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Abstract

Ad hoc networks and bluetooth systems operating over the unlicensed ISM! band are instances
of decentralized wireless networks. By definition, a decentralized network is composed of separate
transmitter-receiver pairs where there is no central controller to assign the resources to the users.
As such, resource allocation must be performed locally at each node. Users are anonymous to each
other, i.e., they are not aware of each other’s code-books. This implies that multiuser detection is
not possible and users treat each other as noise. Multiuser interference is known to be the main
factor that limits the achievable rates in such networks particularly in the high Signal-to-Noise
Ratio (SNR) regime. Therefore, all users must follow a distributed signaling scheme such that the
destructive effect of interference on each user is minimized, while the resources are fairly shared.
In chapter 2 we consider a decentralized wireless communication network with a fixed number
u of frequency sub-bands to be shared among N transmitter-receiver pairs. It is assumed that
the number of active users is a realization of a random variable with a given probability mass
function. Moreover, users are unaware of each other’s codebooks and hence, no multiuser detection
is possible. We propose a randomized Frequency Hopping (FH) scheme in which each transmitter
randomly hops over a subset of u sub-bands from transmission slot to transmission slot. Assuming
all users transmit Gaussian signals, the distribution of the noise plus interference is mixed Gaussian,
which makes calculation of the mutual information between the transmitted and received signals of
each user intractable. We derive lower and upper bounds on the mutual information of each user
and demonstrate that, for large SNR values, the two bounds coincide. This observation enables
us to compute the sum multiplexing gain of the system and obtain the optimum hopping strategy
for maximizing this quantity. We compare the performance of the FH system with that of the
Frequency Division (FD) system in terms of the following performance measures: average sum
multiplexing gain (7)) and average minimum multiplexing gain per user (n®). We show that
(depending on the probability mass function of the number of active users) the FH system can offer
a significant improvement in terms of ") and () (implying a more efficient usage of the spectrum).

In the sequel, we consider a scenario where the transmitters are unaware of the number of active
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users in the network as well as the channel gains. Developing a new upper bound on the differential
entropy of a mixed Gaussian random vector and using entropy power inequality, we obtain lower
bounds on the maximum transmission rate per user to ensure a specified outage probability at a
given SNR level. We demonstrate that the so-called outage capacity can be considerably higher in
the FH scheme than in the FD scenario for reasonable distributions on the number of active users.
This guarantees a higher spectral efficiency in FH compared to FD.

Chapter 3 addresses spectral efficiency in decentralized wireless networks of separate transmitter-
receiver pairs by generalizing the ideas developed in chapter 2. Motivated by random spreading
in Code Division Multiple Access (CDMA), a signaling scheme is introduced where each user’s
code-book consists of two groups of codewords, referred to as signal codewords and signature code-
words. Each signal codeword for the i*" user is a sequence of i.i.d. Gaussian random variables
x;[0], x;[1],--- and each signature codeword is a sequence of i.i.d. random vectors s;[0], ;[1],---
constructed over a globally known alphabet. To represent a message, a unique codeword in each
group is selected and the sequence of vectors x;[0]S;[0], x;[1]S;[1], - - - is transmitted. Using a con-
ditional entropy power inequality and a key upper bound on the differential entropy of a mixed
Gaussian random vector, we develop an inner bound on the capacity region of the decentralized
network. To guarantee consistency and fairness, each user designs its signature codewords based
on maximizing the average (with respect to a globally known distribution on the channel gains)
of the achievable rate per user. It is demonstrated how the Sum Multiplexing Gain (SMG) in the
network (regardless of the number of users) can be made arbitrarily close to the SMG of a central-
ized network with an orthogonal scheme such as Time Division (TD). An interesting observation is
that in general the elements of the vectors in a signature codeword must not be equiprobable over
the underlying alphabet in contrast to the use of binary Pseudo-random Noise (PN) signatures in
randomly spread CDMA where the chip elements are +1 or —1 with equal probability. The main
reason for this phenomenon is the interplay between two factors appearing in the expression of the
achievable rate, i.e., multiplexing gain and the so-called interference entropy factor. In the sequel,
invoking an information theoretic extremal inequality, we present an optimality result by showing
that in randomized frequency hopping which is the main idea in the prevailing bluetooth devices in
decentralized networks, transmission of i.i.d. signals in consecutive transmission slots is in general
suboptimal regardless of the distribution of the signals.

Finally, chapter 4 addresses a decentralized Gaussian interference channel consisting of two
block-asynchronous transmitter-receiver pairs. We consider a scenario where the rate of data arrival
at the encoders is considerably low and codewords of each user are transmitted at random instants
depending on the availability of enough data for transmission. This makes the transmitted signals

by each user look like scattered bursts along the time axis. Users are block-asynchronous meaning
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there exists a delay between their transmitted signal bursts?. The proposed model for asynchrony
assumes the starting point of an interference burst is uniformly distributed along the transmitted
codeword of any user. There is also the possibility that each user does not experience interference
on a transmitted codeword at all. Due to the randomness of delay, the channels are non-ergodic
in the sense that the transmitters are unaware of the location of interference bursts along their
transmitted codewords. In the proposed scheme, upon availability of enough data in its queue, each
user follows a locally Randomized Masking (RM) strategy where the transmitter quits transmitting
the Gaussian symbols in its codeword independently from symbol interval to symbol interval. An
upper bound on the probability of outage per user is developed using entropy power inequality
and a key upper bound on the differential entropy of a mixed Gaussian random variable. It is
shown that by adopting the RM scheme, the probability of outage is considerably less than the
case where both users transmit the Gaussian symbols in their codewords in consecutive symbol

intervals, referred to as Continuous Transmission (CT).

2Users are synchronous at the symbol level.
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Chapter 1

Introduction

Increasing demand for wireless applications on one hand, and the limited available resources on
the other hand, provoke more efficient usage of such resources. Due to its significance, many
researchers have addressed the problem of resource allocation in wireless networks. One major
challenge in wireless networks is the destructive effect of multiuser interference, which degrades
the performance when multiple users share the spectrum. As such, an efficient and low complexity
resource allocation scheme that maximizes the quality of service while mitigating the impact of
the multiuser interference is desirable. The existing resource allocation schemes are either central-
1zed, i.e., a central controller manages the resources, or decentralized, where resource allocation is
performed locally at each node. Due to the complexity of adapting the centralized schemes to the
network structure (e.g. number of active users), these schemes are usually designed for a fixed
network structure. This makes inefficient usage of resources because, in most cases, the number of
active users may be considerably less than the value assumed in the design process. On the other
hand, most of the decentralized resource allocation schemes suffer from the complexity, either in
the algorithm (e.g. game-theoretic approaches involving iterative methods) or in the hardware (e.g.
cognitive radio). Therefore, it is of interest to devise an efficient and low-complexity decentralized

resource allocation scheme, which is the main goal of this thesis.

1.1 Review of Existing Centralized and Decentralized Resource
Allocation Schemes

1.1.1 Centeralized Schemes

In recent years, many centralized power and spectrum allocation schemes have been studied in

cellular and multihop wireless networks [1, 2, 3, 4, 5, 6, 7, 8]. Clearly, centralized schemes perform



better than the decentralized (distributed) approaches, while requiring extensive knowledge of the
network configuration. In particular, when the number of nodes is large, deploying such centralized
schemes may not be practically feasible.

Traditional wireless systems aimed to avoid the interference among users by using orthogonal
transmission schemes. The most common example is the Frequency Division (FD) system, in
which different users transmit over disjoint frequency sub-bands. The assignment of frequency
sub-bands is usually performed by a central controller. Despite its simplicity, FD is shown to
achieve the highest throughput in certain scenarios. In particular, [9] proves that in a wireless
network where interference is treated as noise (no multiuser detection is performed), if the crossover
gains are sufficiently larger than the forward gains, FD is Pareto-rate-optimal. Due to practical
considerations, such FD systems usually rely on a fixed number of frequency sub-bands. Hence,
if the number of users changes, the system is not guaranteed to offer the best possible spectral

efficiency because, most of the time, the majority of the potential users may be inactive.

1.1.2 Decentralized Schemes

In decentralized schemes, decisions concerning network resources are made by individual nodes
based on their local information. Two important classes of decentralized schemes reported in the
literature rely on either game-theoretic approaches or cognitive radios. Cognitive radios [10] have
the ability to sense the unoccupied portion of the available spectrum and use this information in
resource allocation. Fundamental limits of wireless networks with cognitive radios are studied in [11,
12, 13, 14]. Although cognitive radios avoid the use of a central controller, they require sophisticated
detection techniques for sensing the spectrum holes and dynamic frequency assignment, which add
to the overall system complexity [15]. Noting the above points, it is desirable to have a decentralized
frequency sharing strategy without the need for cognitive radios, which allows the users to coexist
while utilizing the spectrum efficiently and fairly.

Spread spectrum communications [16] offers techniques for sharing the same bandwidth by
several users. Historically, it was used as a means of low interception for military use. This area
has attracted tremendous attention during the past three decades in the context of centralized
uplink/downlink multiuser systems. Appealing characteristics of spread spectrum systems have
motivated researchers to utilize these schemes in networks without a fixed infrastructure, e.g.,
packet radio or ad-hoc networks [17]. In direct sequence spread spectrum systems, the signal of
each user is spread by a PN signature. The challenging point is that if two users pick the same
signature, they will not be capable of recovering the data at the receiver side due to the high
amount of interference. A distributed code assignment technique is developed in [18] for a certain

snapshot of an ad hoc network with an arbitrary communication topology. The main idea is to



use signatures with variable spreading factors based on the local traffic in the network. Using a
greedy approximation algorithm and invoking graph theory, a distributed code assignment protocol
is suggested to maximize the throughput of the network.

Randomly spread direct sequence techniques proposed in [19, 20] represent practical CDMA
systems in the context of Multiple Access Channels (MAC). To generate its signature in practice,
each transmitter utilizes the output of a Linear Feedback Shift Register (LFSR). An LFSR generates
a maximum length sequence (m-sequence) of relatively large period over the alphabet {—1,+41}.
Thereafter, the transmitter breaks the m-sequence generated by its LESR into a large number of
pieces (signatures) and utilizes these signatures to spread the symbols in its codeword. This can
be accurately modeled by random spreading where each transmitter generates a binary random
signature whose elements are +1 or —1 equally likely. Authors in [19] assess the capacity loss of
such a mechanism under various sub-optimum and low-complexity multiuser detection strategies
such as conventional matched filter, decorrelator and minimum mean square error estimator. An
important characteristic of this randomized signaling is that each transmitter runs its own LFSR
locally and there is no need to design the optimum capacity-achieving signatures and assign them
to the users. However, the common receiver is required to know the signatures of all users in order
to decode their messages.

Being a standard technique in spread spectrum communications and due to its interference
avoidance nature, hopping is the simplest spectrum sharing method to use in decentralized networks.
As different users typically have no prior information about the codebooks of the other users, the
most efficient method is avoiding interference by choosing unused channels. As mentioned earlier,
searching the spectrum to find spectrum holes is not an easy task due to the dynamic spectrum
usage. As such, Frequency Hopping (FH) is a realization of a transmission scheme without sensing,
while avoiding the collisions as much as possible. Frequency Hopping is one of the standard signaling
schemes [17] adopted in ad-hoc networks. In short range scenarios, bluetooth systems [21, 22, 23]
are the most popular examples of a Wireless Personal Area Network (WPAN). Using FH over
the unlicensed ISM band, a bluetooth system provides robust communication to unpredictable
sources of interference. A modification of Frequency Hopping, called Dynamic Frequency Hopping
(DFH), selects the hopping pattern based on interference measurements in order to avoid dominant
interferers. The performance of a DFH scheme when applied to a cellular system is assessed in
[24, 25, 26].

Although there has been a tremendous amount of work on the performance evaluation of
hopping-based decentralized networks, there are only a few information-theoretic results reflect-
ing the fundamental limits of such networks. We will offer a thorough analysis of a decentralized
network where all users follow a randomized hopping strategy to share the resources, while the

number of active users is a random variable with a given distribution. In one scenario, the channel



gains and the number of active users are assumed to be static and known to the corresponding
transmitter-receiver nodes. This assumption makes the concept of achievable rate in the Shannon
sense meaningful. However, in case the channel gains and the number of active users are not known
to the transmitters, the concept of achievable rate may no longer be valid. A common setup for
such an assumption is a network where channel gains are quasi-static fading and unknown to the
transmitters, which is also addressed in the thesis.

Rayleigh fading is an unavoidable phenomenon in wireless networks that can affect the per-
formance of the system significantly. Traditionally, Rayleigh fading has been considered to be
harmful due to reducing the transmission reliability in wireless networks. However, recently, re-
searchers have been able to reduce this harmful effect by exploiting the so-called multiuser diversity
[27, 28]. This can be considered a scheduling gain by allowing the users with favorable channels
to be active. It is shown that multiuser diversity gain can be as large as loglog N in broadcast
and multiple-access channels [29, 30, 31| and log N in single-hop ad hoc networks [32, 33|, as N
grows to infinity. However, achieving this scheduling gain requires the fading channels to vary over
time such that all possible realizations of the fading process are covered. In the case that channel
gains are selected randomly at the start of the transmission and remain constant during the whole
transmission period (quasi-static fading), the channels do not have ergodic behavior. In this case,
a suitable performance measure is the so-called e-outage capacity [34], denoted by R(e), which is

defined as the maximum transmission rate per user, ensuring an outage probability below ¢, i.e.,
R(e) = sup{R : Pr{Outage} < ¢}.

The reality of wireless channels is more complicated to be simply represented by the Rayleigh
fading model. A class of channel models considered in the literature is the one in which the signal
power decays according to a distance-based attenuation law [35, 36, 37, 38, 39, 40, 41, 42]. More-
over, the presence of obstacles adds some randomness (known as shadowing) to the received signal.
It is well known that the effects of such random phenomena can significantly affect the through-
put of a spectrum sharing network in both multi-hop [43, 44, 45, 46] and single-hop scenarios [47]
(Chapter 8), [48, 49, 50, 51, 52]. These features indeed increase the frequency reuse factor as they
will attenuate the interference caused by a given transmitter on its neighboring receivers. In spite
of the significance of the effects of distance-based attenuation and shadowing on the throughput of
a spectrum sharing system, unfortunately, there is not a single commonly accepted model to repre-
sent these factors. It should be emphasized that the inclusion of signal attenuation due to distance
and/or shadowing will indeed simplify the spectrum sharing as the multiuser interference will be
attenuated and consequently its harmful effect will be reduced. On the other hand, these factors
do not impact the performance of the orthogonal schemes in which the multiuser interference is

altogether avoided. In spite of this fact, as the actual model used to represent distance-based at-
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tenuation and shadowing can have a profound impact on the system throughput (to the advantage
of the randomized spectrum sharing schemes advocated in the current article), to avoid any confu-
sion, we have relied on a simple Rayleigh fading model which in some sense captures the minimum
advantage offered by the proposed scheme vs. those based on orthogonal separation of users.

Reference [53] studies a wireless network composed of a set of transmitter/receiver pairs in
which a given link can be off or transmit with a constant power. Both the case of Rayleigh fading
as well as a Rayleigh fading mixed with a proper distance-based attenuation are considered and a
comparison between the scaling (with respect to the number of links) of the throughput in these
two cases is provided.

In [54, 55], the authors study a decentralized wireless ad hoc network where different trans-
mitters are connected to different receivers through channels with a similar path loss exponent.
Assuming the transmitters are scattered over the two dimensional plane according to a Poisson
point process, a fixed bandwidth is partitioned into a certain number of sub-bands, such that the
so-called transmission intensity in the network is maximized, while the probability of outage per
user is below a certain threshold[54]. The transmission strategy is based on choosing one sub-band
randomly per transmission, which is a special case of Frequency Hopping. In [55], a non-iterative
and distributed power control scheme is introduced, for which the constant power and the channel
inversion schemes are extreme cases. It is observed that none of these cases are ideal in general. In
fact, it is shown that regulating the transmission power proportionally to the inverse square root
of the forward channel strength minimizes the outage probability.

Frequency hopping is also proposed in [14] in the context of cognitive radios, where each cog-
nitive transmitter selects a frequency sub-band but quits transmitting if the sub-band is already
occupied by a primary user.

The popularity of Frequency Hopping motivates us to consider this scheme operating over a
fixed bandwidth where due to practical constraints, the spectrum is divided to a number u of
frequency sub-bands.

It is worth mentioning that the long-known ALOHA system [56] is a potential candidate for
data communication in a decentralized network. In an ALOHA-like system, each user randomly
selects a number of frequency sub-bands upon activation and transmits the entire symbols in its
codeword through the selected sub-bands. Therefore, if two users overlap (partially or completely)
on their selected sub-bands, they lose (some or the entire) information in the transmitted packets.
However, in the randomized FH scheme, each user transmits the different symbols in its codeword
through randomly selected sub-bands which changes from transmission slot to transmission slot.
Overall, in an ALOHA-like system there is a nonzero probability that any user loses its entire
codeword regardless of the transmission rate, while in the randomized FH scenario, one can al-

ways transmit bellow a certain rate and recover its data completely for each transmission block.



Although, the average throughput of an ALOHA-like system can be shown to be the same as that
of the randomized FH scheme in the high SNR regime, there are basic assumptions made in an
ALOHA system that are not necessary in the FH scheme:

1- The need to retransmit the lost packets in ALOHA-like systems demands the receiver to notify
its associated transmitter that a packet is lost. This leads to considerable delay and stability® issues
regarding the backlogged packets [57, 58, 59]. Also, there must be a feedback link from any receiver
to its affiliated transmitter in order to report the lost packets. This decreases the overall spectral
efficiency.

2- In the ALOHA system, all users are assumed to be block and symbol synchronized. However,
in the proposed FH scheme, the assumption on block synchronization is either unnecessary (blocks
are transmitted without interruption) or the analysis can be easily generalized to include cases that
there are periods of silence between blocks.

Recently, researchers have aimed to improve the average throughput of an ALOHA network in
the context of random multiple access. For example, let there be at most two users in the network
where each user is active with a probability p. Inspired by the fact that the capacity region of a
two-user multiple access channel is a polytope with two corner points (r1,72) and (r],r,) where
r1, 72,71 and r} are nonzero rates, the authors in [60] propose that user 1 (user 2) selects 71 and r}
(ro and r4) with probabilities ¢ and 1 — g, respectively. As far as the pair of selected rates lies in
the capacity region of the corresponding multiple access channel, the messages sent by both users
can be received with arbitrarily small probability of error. Finally, ¢ is selected to maximize the
average throughput. An elegant approach is proposed in [61] where users transmit over several data
streams (using message splitting) and the receiver decodes only certain data streams depending on
which users are active. This results in characterizing the capacity region of the Gaussian random
multiple access channel within a constant gap in a scenario where the activation status of both
users is only available at the receiver. We emphasize that these techniques do not apply in the
setup of a decentralized network as the capacity region of a decentralized interference channel is

unknown and multiuser detection is not possible.

1.1.3 Block-Asynchronous Decentralized Networks

Interference channels represent networks of separate transmitter-receiver pairs where encoding and
decoding are performed without any cooperation among the users. The capacity region of inter-
ference channels has been unknown for more than thirty years. Even the two-user case is only
partially solved [62, 63, 64, 65]. In fact, [62] proves that the classical random coding scheme devel-

oped by Han and Kobayashi [66] can achieve within one bit of the capacity region of the two-user

!An ALOHA system is called stable if the Markovian process of backlogged packets is ergodic.
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Figure 1.1: Asynchrony among the transmitted codes in a scenario where data traffic in each queue

is relatively low.

interference channel for all ranges of channel coefficients and SNR values.

Two pivotal assumptions made in [62, 63, 64, 65, 66] and the references therein are:

1- The network is centralized, i.e., there is a central controller that assigns the resources (such
as bandwidth) to the users. Moreover, users are aware of each other’s code-books. One drawback
of centralized scenarios is that the network is designed to service a certain number of users. Hence,
if the number of active users is less than what is considered in the design phase, spectral efficiency
will be very low, i.e, most of the bandwidth is not used.

2- Data is constantly available at the encoders for transmission. Also, all users are block-
synchronous, i.e., they start to transmit their codewords in the same symbol interval in a slotted
channel. This assumption is not necessarily valid in practice, because different users are not required
to become active or inactive simultaneously. In fact, if the rate of data arrival at the encoders is
relatively low, transmitters only transmit intermittently. In this case, codewords of different users
overlap partially or do not overlap at all. This is illustrated in fig. 1.1.

Information theoretic studies on a network of block-asynchronous users is already investigated
in [68, 69] in the context of centralized Multiple Access Channel (MAC) with two users. In case
the amount of mutual delay between the codewords of the users in negligible compared to the
length of codewords, it is shown in [68] that the capacity region of a MAC with block-asynchronous
users coincides with the capacity region of a MAC with block-synchronous users. On the other
hand, if the amount of delay is comparable with the block-length, the authors in [69] show that
the capacity region is still similar to the capacity region of a MAC with block-synchronous users
except for the fact that time-sharing is not possible anymore. In particular, it is concluded that
the capacity region of a Gaussian MAC with block-asynchronous users is the same as the capacity
region of block-syncronous Gaussian MAC regardless of the value of delay. The scheme consists of
rate splitting at the encoders and embedding preamble intervals of data at the beginning of each
codeword so that the receiver can estimate the delay between the two users’ transmission blocks
[70]. The collision MAC without feedback is introduced in [71] where it is shown how users can
jointly design their transmitters in order to reliably communicate in the presence of unknown delays

between any two users’ transmission blocks whether the users are synchronous at the symbol level



or not.

An approach is taken in [72] to study a centralized interference channel with block-asynchronous
users. Using the general formula for capacity proposed in [73] and based on the concept of infor-
mation density, the authors derive an expression for the capacity region of such networks. This
expression is not a single-letter formulation of the capacity region and hence, it is not computable.
By deriving a single-letter inner bound, the authors present an analysis of the block-asynchronous
two-user interference channel where the main focus is to show that using Gaussian codewords is in
general suboptimal.

The schemes proposed in [68, 69, 70, 71, 72| can not be applied to a decentralized interference
channel with block-asynchronous users based on the model considered in the current article. This
is mainly due to the fact that in general joint transmitter design is not possible in decentralized
scenarios and users are unaware of each other’s code-books. Moreover, [68, 69, 70, 71, 72] assume
that the users have always enough data in their queues for transmission. This results in a similar
delay pattern between consecutive transmission blocks of the users. However, if users do not have
enough data for transmission, their transmission blocks look like scattered signal bursts along
the time axis. This results in different values for the mutual delay between any two overlapping
transmission blocks of the users. Therefore, it is of interest to devise an efficient and low-complexity
resource allocation scheme in a two-user decentralized interference channel in which the users
are block-asynchronous and the rate of data arrival at the encoders is relatively low, i.e., the

transmitters do not have always enough data for transmission.

1.2 Contributions

1.2.1 Chapter 2

In chapter 2, we consider a decentralized wireless communication network with a fixed number
u of frequency sub-bands to be shared among N transmitter-receiver pairs. It is assumed that
the number of active users is a realization of a random variable with a given probability mass
function. Moreover, users are unaware of each other’s codebooks, and hence, no multiuser detection
is possible. We propose a randomized Frequency Hopping scheme in which the " transmitter
randomly hops over v; (the hopping parameter) out of u sub-bands from transmission slot to
transmission slot. Assuming i.i.d. Gaussian signals are transmitted over the chosen sub-bands, the
distribution of the noise plus interference becomes mixed Gaussian, which makes the calculation
of the achievable rate complicated. The main contributions of this chaper are presented in two
different cases:

Case I: Transmitters are aware of the number of active users and the channel gains.



e We derive lower and upper bounds on the mutual information between the transmitted
and received signals of each user and demonstrate that, for large SNR values, the two bounds
coincide. Thereafter, we are able to show that the achievable rate of the i*" user scales like
5 Hévzl (1 —%2)log SNR.

oj\?\}e show that each transmitter only needs the knowledge of the number of active users in the
network, the forward channel gain and the maximum interference level at its associated receiver
to regulate its transmission rate. Knowing these quantities, we demonstrate how the i*® user can

achieve a multiplexing gain of % H%l (1 — %)
JFi
e We obtain the optimum design parameters {vi}ij\il in order to maximize various performance

measures.

e We compare the performance of the FH with that of the Frequency Division in terms of
the following performance measures: average sum multiplexing gain (77(1)) and average minimum
multiplexing gain per user (77(2)). We show that (depending on the probability mass function of
the number of active users) the FH system can offer a significant improvement in terms of nM and
17(2) (implying a more efficient usage of the spectrum).

Case II: Transmitters are unaware of the number of active users and the channel gains.

e Developing a new upper bound on the differential entropy of a class of mixed Gaussian
random vectors and using entropy power inequality, we offer three lower bounds on the e-outage

capacity of each user denoted by R%l})l (e), R1(?2})1 (¢), and R](?S&(e). To evaluate the system performance

analytically, we use Rg)l (€), which can be computed easily. However, computation of R%lﬁ(e) and
R%)I (¢) involves integrations that cannot be carried out in a closed form. In the simulation results,
we use the lower bounds Rg& (¢) and R%)I (€), which are tighter than R?ﬁ (e).

e We perform asymptotic analysis for the outage capacity in terms of ¢ and SNR. In the
asymptotically small € regime, we observe that the maximum of outage capacity is obtained when
the hopping parameter for each user is either 1 or u. In the asymptotically small SNR regime,
we demonstrate that the system achieves the optimal performance regardless of the value of the

hopping parameter. For asymptotically large values of SNR, it is shown that the optimal hopping

u
Nmax |’

parameter is where npax is the maximum possible number of concurrently active users in
the network.

e We compare the outage capacity of the underlying FH scenario with that of the FD scheme
for various scenarios in terms of distributions on the number of active users, SNR and . It is
shown that FH outperforms FD in terms of outage capacity in many cases. We observe that in
the low SNR regime, FH and FD offer the same performance. In the low ¢ regime, FD is always
better than FH, however, for many practical scenarios there exists a threshold, e,, such that FH

outperforms FD as far as € > e¢,. Also, we have shown that supremacy of FH over FD in the high



SNR regime occurs quite often.

1.2.2 Chapter 3

In chapter 3, we focus on a decentralized network of N transmitter-receiver pairs. It is assumed
that different transmitters are linked to different receivers through channels with static and non-
frequency selective gains that are realizations of i.i.d. complex Gaussian random variables repre-
senting Rayleigh fading. In a decentralized interference channel the knowledge of users over the
channel gains is only partial. In fact, each user is only aware of the channel gains from all trans-
mitters to its own receiver. Motivated by random spreading in CDMA, we assume that the ‘"
user generates two groups of code-books, referred to as the signal code-book and signature code-
book with rates R; and R}, respectively. The signal code-book is a collection of 2lTEi| codewords
where each codeword consists of T" i.i.d. Gaussian random variables @;[0], ;[1],--- , x;[T" — 1]. The
signature code-book is a collection of 2175 codewords where each codeword consists of T i.i.d.
random vectors §;[0], §;[1],- - - , 8;[T — 1] with equal length K called signature vectors. The elements
in each signature vector are independently generated based on a globally known Probability Mass
Function (PMF) over a finite alphabet A. Letting each user have TR +ITR] possible messages
for transmission (message splitting), corresponding signal and signature codewords are picked and
the sequence of vectors x;[0]8;[0], ;[1)S;[1], - - , &[T — 1)8;[T — 1] is transmitted. As an example,
let K = 8, the underlying alphabet for the signatures be A = {—1,0,+1}, a typical symbol in the

signal codeword be x; and the corresponding signature vector in the signature codeword be
t
s=(1 1010 -1 1 1),

Thereafter, the vector
t

is transmitted in 8 consecutive transmission slots.
Let us denote the received vector in the K transmission slots during which x;8; is transmitted
(4,84;9;)

by ¥;. Then, any transmission rate R; + R} < I is achievable in the conventional sense by

applying typical decoding [80]. To calculate the quantity W, the 7" user needs to estimate
the number of users and the gains of the channels connecting the transmitters to its receiver and
send these data to its affiliated transmitter through a feedback link. The i*® user aims to design
K and the underlying PMF used to generate the signature vectors such that E {W} is as
large as possible. Here, the expectation is with respect to the channel gains. To motivate the use
of E{.}, note that in decentralized networks the knowledge of the users about the channel gains is
only partial due to the lack of a central controller or cooperation among users. For example, in a

network of N = 3 users, it is reasonable to assume that user 1 is aware of the channel gains from
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transmitters 2 and 3 to receiver 1, however, user 1 is completely unaware of the channel gain from
transmitter 2 to receiver 3. Since the quantity I(x;, S;; ;) depends on the gains of the channels
connecting all transmitters to the receiver of the i*" user, maximizing W by this user results
in possibly different solutions for K and the underlying PMF compared to the solutions obtained
for these parameters by other users. Assuming all the channel gains are realizations of i.i.d. complex
I(“’if;i?'.’?i) }

Gaussian random variables, the quantity E { does not depend on the index ¢ and it can

be used as the utility function to be maximized by any user. In fact, optimizing E %
leads to a consistent result for all users, i.e., all users come up with the same set of values for the
design parameters.

We are primarily interested in system design at a finite SNR level. Since different users are
unaware of each other’s signature vectors, the noise plus interference at each receiver is mixed
Gaussian. Appropriate tools such as conditional entropy power inequality and a key upper bound
on the differential entropy of a mixed Gaussian vector are applied to develop a lower bound on
I(x;, 8i;Y;). This lower bound is tight enough to guarantee the same SNR scaling as that of
I(x;, 8i;Y;) and a similar behavior in medium ranges of SNR as that of I(x;, §;;4;). The latter is
quite essential as it states that the derived lower bound on I(x;, §;; 4;) mimics the plot of I(x;, 8;; ;)
as a function of the design parameters. This enables us to design the signature code-books based

on the proposed lower bound.

Comparison With Prior Art

Our scheme is an instance of random spreading [19] in CDMA systems with the difference that the
spreading codes (signature vectors in our setup) also carry some information to the corresponding
receivers. It is long known in the context of CDMA-based Gaussian MAC that if the signature codes
of the users are 81, -, 8y, the sum capacity of the network drops unless the matrix [§1| |8 N]
has orthogonal rows [74]. This condition is certainly not satisfied in a randomly spread CDMA-
based Gaussian MAC. Hence, one expects that random spreading only achieves a fraction of the
sum-capacity of a Gaussian MAC as shown in [19].

The analysis given in [19] considers the asymptotic case of N, K — oo, while the fraction % is
a constant. It is shown that the spectral efficiency of the network in the randomly spread CDMA
depends on the empirical eigenvalue distribution of random matrices with particular structures.
Invoking results from random matrix theory [81] in the mentioned asymptotic case, this empirical
distribution tends to a deterministic distribution that makes the analysis tractable. In this work, we
are interested in the behavior of a decentralized network with any finite number of users. As such,
due to the finiteness of the number of active users, the Central Limit Theorem and its variants such

as Lindeberg-type Theorems [89] that are used in [19] are not applicable in our setup. Although
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the emphasis is on finite N, we will also examine several asymptotic regimes.

The focus of [19] is on a MAC where the receiver is aware of the signatures of all users. The
signature of any user is randomly generated to spread a symbol in its codeword, where the common
receiver is assumed to be aware of the signatures of all users. However, in this work the focus
is on a decentralized interference channel where any user is unaware of the signatures of other
users. Moreover, the sequence of signatures used by any single user is already designed as part of
its code-book and it carries some information to the corresponding receiver. Since each signature
vector is a random vector with a finite number of possible realizations, the noise plus interference
at any receiver is a mixed Gaussian vector. As mentioned before, this makes I(x;, §;;¥;) have no
closed expression.

Note that using the minimum distance decoder over a channel with additive non-Gaussian noise
is generally suboptimal. In fact, it is shown in [76] that Nearest Neighbor Decoding (NND) over an
additive white complex non-Gaussian noise channel, referred to as mismatched decoding, does not
achieve any rate beyond Zxnp £ log (1 + U—PQ) where P is the average transmission power and 202
is the noise spectral density. Treating interference as noise in our setup, o2 is proportional to P,
and hence, ZnND saturates as the average transmission power tends to infinity. This in particular
shows that using the minimum distance decoder achieves no multiplexing gain in a decentralized
network where users apply the signaling proposed in this chapter. However, we will show that
% scales like (% — 5) log SNR in the high SNR regime (for any finite number of users N and
arbitrary 6 > 0) by designing the signature vectors appropriately. This is guaranteed as far as a
jointly typical decoder is adopted that is matched with the mixed Gaussian PDF of the noise plus

interference.

Main Observations

In the sequel, we are able to make several observations as follows:

Observation 1- There exists a tradeoff between the achievable rates in high and medium SNR:

Investigation of the lower bound reveals a tradeoff between the value of the achievable rate
in medium SNR and the multiplexing gain per user. In fact, the developed lower bound on the
achievable rate of each user can be roughly expressed as MGlog SNR — IEF where MG is the
multiplexing gain per user and IEF is what we call the interference entropy factor. This factor
depends on the discrete entropy of a deterministic function of the signature vectors of the interferers.
For any two different alphabets A; and Ay that are used to generate the signatures of users, if
MG 4, > MG,, then IEF 4, > IEF 4, as well. This implies that choosing Ay is more appropriate
for relatively smaller values of SNR, while choosing A; results in larger values for the lower bound

at relatively larger SNR values. This is illustrated in fig. 1.2. Simulation results confirm that this
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Figure 1.2: The tradeoff between the slope (high SNR) and the values (medium SNR) of the rate.

behavior is a fundamental property of the achievable rate, i.e., the observation based on the lower
bound on % holds for % as well.

Observation 2- The elements of the signature vectors are not necessarily equiprobable over the
underlying alphabet:

A surprising observation is that the designed PMF used to generate the signature vectors is not
necessarily uniform. For example, let the underlying alphabet be {—1, +1} and the number of users
be N = 4. We show that the probabilities of +1 and —1 that maximize the achievable rate of each
user are not equal to %, i.e., the elements of the signatures are not equiprobable over the underlying
alphabet. This is in contrast to the customary use of binary PN signatures in conventional CDMA
systems where the chip elements are +1 or —1 with equal probability. This observation is confirmed
by calculating the exact value of the achievable rate for each user through simulations. Once again,
the developed lower bound on the achievable rate of each user is shown to mimic the lower bound
itself, i.e., it is maximized by letting +1 and —1 have unequal probabilities. The main reason for
this phenomenon is the interplay between the factors MG and IEF described in the preceding part.

Observation 3- It is possible to achieve the SMG of orthogonal schemes in decentralized net-
works:

One may consider a generalized version of our approach where each signature vector is randomly
generated to be one of the vectors in a globally known signature-book C. For example, if the

underlying alphabet is {—1, +1}, our signaling scheme reduces to selecting signatures in the set of
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all K-tuples whose elements are either 1 or —1. Assuming the signatures in C are selected with equal
probability, we show that the SMG of the network is bounded from above by (1 — ﬁ)N_l where
IC| denotes the size of C. Moreover, given any natural number L, we construct a signature-book Cr,
of size L such that an SMG of (1 — %)Nfl is in fact achievable. Therefore, regardless of the number
of users an SMG of 1 is approachable by increasing L and using the right signature-book Cy,. This
is the SMG of an orthogonal signaling scheme such as time division multiplexing. However, the
choice of Cy, is not unique. This implies that users are not able to agree upon Cr; without any
coordination, i.e., they must somehow agree on a global choice of the optimum Cy..

Observation 4- The SMG of a decentralized network with matched filtering at the receivers
and hence, the SMG of random spreading CDMA-based MAC with matched filtering, is nonzero as
N tends to infinity:

We offer an analysis of the multiplexing gain if the receivers are equipped with suboptimal
detectors using matched filters. This detection method is widely used in conventional CDMA system
due to its low complexity [19]. In this approach, each receiver first decodes the sequence of signature
vectors §;[0], 8;[1],--- , &[T — 1] and decides on the sequence of signals x;[0], z;[1],- -, x;[T — 1]
based on the inner products éj [0]7;[0], 8" [1]5;[1],-- - , 8 [T — 1]9,[T —1]. In the special case that the
signature vectors are generated over {—1,+1}, we demonstrate that the elements of the signatures
must not necessarily be +1 or —1 with equal probabilities. This particularly holds if the number
of users is larger than or equal to 5. It is shown that if all users select the right values for the
probabilities of +1 and —1, the SMG of the network settles on 0.182 as the number of users tends to
infinity. However, if all users construct their signatures by selecting each element in the signature
to be +1 or —1 with equal probabilities, the SMG in the network tends to 0 as the number of users
increases. Moreover, the optimum value for the length K of signatures is K = 2 regardless of the
value of N. The authors in [19] show that the sum rate in a randomly spread CDMA-based MAC
with matched filters utilized at the receiver side saturates in the asymptotic case where N, K and
SNR tend to infinity while the ratio % is a constant. However, our results demonstrate that by
appropriately selecting the probabilities of +1 and —1 (not equal to %) and setting K = 2, the
sum rate in a randomly spread CDMA-based MAC exploiting matched filters scales with log SNR

instead of saturating.

1.2.3 Chapter 4

A network of two transmitter-receiver pairs is considered where the channel from each transmitter
to each receiver is modeled by static and non-frequency selective Rayleigh fading. The network is
decentralized, i.e., there is no central controller to assign the resources to the users and users do

not explicitly cooperate. In particular, each user is unaware of the other user’s code-book. Hence,
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multiuser detection is not possible at the receivers. We consider a scenario where the rate of data
arrival at the encoders is low such that the codewords of each user are transmitted at random
instants depending on the availability of data for transmission. As such, the transmitted signals by
each user look like scattered bursts along the time axis. Moreover, the users are block-asynchronous
meaning there exists a mutual delay between their transmitted codewords. There are two main
reasons for asynchrony:

1- Users do not become active simultaneously, i.e., the two queues start to accept data at
different instants. This entails a transient phase where one user is active and the other user becomes
active at a later time. Although we are not interested in this transient period and we focus on a
phase where both users are active, it is important to note that the length of the transient phase
is in general a random variable which adds to the randomness of delay between the transmitted
codewords of the two users.

2- The data streams entering the queues of the two users are independent. In fact, if one user
has enough data in its queue for transmission, the other user may be still waiting to receive more
data and will transmit at a later instant.

The proposed model for asynchrony assumes the starting point of an interference burst is
uniformly distributed along the transmitted codeword by each user. Also, users may not experience
any interference on a transmitted codeword at all.

Due to the randomness of delay, the communication channel for each user is non-ergodic in the
sense that the transmitters are unaware of the starting point of interference bursts. Outage analysis
is an appropriate computational tool to study the performance in this setup. Aside from the delay
pattern, it is also assumed that the transmitters are unaware of the channel gains in the network.
However, each receiver is able to measure (without error) the channel gains and the mutual delay
by the end of the transmission of its corresponding codeword.

Following the randomized resource allocation scenario proposed in chapter 2, we adopt a strategy
where each user transmits a Gaussian symbol in its codeword with a probability of 6§ and quits
transmitting with a probability of 1 — # independently from symbol interval to symbol interval in
a slotted channel?. We call this scheme Randomized Masking (RM) with activity factor §. For
example, let us consider the scenario in fig. 1.1, and assume that both encoders randomly mask
their outputs. This is demonstrated in fig. 1.3 where the masked symbol intervals are shown in
black.

As no user is aware of the on-off pattern of the other user, the noise plus interference has a mixed
Gaussian distribution. As a result, one can not find a closed expression for the mutual information

between the channel input and channel output of any user. Hence, it is not possible to derive

2In fact, we assume the users are synchronous at the symbol level, i.e., they are symbol-synchronized. Throughout

the chapter, asynchrony only exists at the block level.
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Figure 1.3: Each user masks its output independently from symbol interval to symbol interval.

a closed expression for the probability of outage. Instead, an upper bound on the probability
of outage is developed using entropy power inequality together with a key upper bound on the
differential entropy of a mixed Gaussian random variable. In the sequel, the activity factor 0 is
designed to minimize the upper bound on the probability of outage. This upper bound has the
following properties:

e It is tight at 8 = 1, i.e., setting # = 1 in its expression yields the exact probability of outage
for the case when masking is not applied.

e The activity factor 6 that minimizes the upper bound is in general less than 1.

Therefore, it is shown that the proposed RM strategy reduces the probability of outage compared
to the case where all transmitters keep transmitting their Gaussian signals in consecutive symbol
intervals (no masking applied), referred to as Continuous Transmission (CT). We emphasize that
even in the CT scheme, in case the users do not have enough data in their queues, they remain
silent and wait for more data to arrive. Hence, CT must not be interpreted as a scenario where

users have always data for transmisson.
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Chapter 2

Randomized Frequency Hopping

2.1 System Model and Assumptions

We consider a wireless network with /N users! operating over a spectrum consisting of u orthogonal
sub-bands. The number of active users is assumed to be a realization of a random variable with
a given distribution, however, it is fixed during the whole transmission once it is set first. The
transmission blocks of each user comprise of an arbitrarily large number of transmission slots. We
remark that the results of this chapter are valid regardless of having block synchronization among
the users, however, we assume synchronization at the symbol level. The i*! user exploits v;(< u)
out of the u sub-bands in each transmission slot and hops randomly to another set of v; frequency
sub-bands in the next transmission slot. This user transmits independent real Gaussian signals
of variance U% over the chosen sub-bands, in which P denotes the total average power for each
transmitter. Each receiver is assumed to know the hopping pattern of its affiliated transmitter.
It is assumed that the users are not aware of each other’s codebooks and hence, no multiuser
detection or interference cancelation is possible at the receiver sides. The static and non-frequency
selective channel gain of the link connecting the i*® transmitter to the j*™ receiver is shown by
hi ;. As it will be shown in (2.50), the only information each transmitter needs in order to regulate
its transmission rate (focusing on the achieved multiplexing gain) is its forward channel gain, the
maximum interference level at its associated receiver and the number of active users in the network.
This information can be obtained at the receiver side and provided to the corresponding transmitter
via a feedback link?.

As all users hop over different portions of the spectrum from transmission slot to transmission

slot, no user is assumed to be capable of tracking the instantaneous interference level. This assump-

!Each user consists of a separate transmitter-receiver pair.
2This is addressed in section 2.4.
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tion makes the interference plus noise PDF at the receiver side of each user be mixed Gaussian.
In fact, depending on different choices the other users make to select the frequency sub-bands and
values of the crossover gains, the interference on each frequency sub-band at any given receiver

2N—1

can have up to power levels. The vector consisting of the received signals on the frequency

sub-bands at the i*" receiver in a typical transmission slot is
Y; = hii®i + Z;, (2.1)

where #; is the u x 1 transmitted vector and Z; is the noise plus interference vector at the receiver

side of the ' user. One may write pz,(.) as

ps. (@) = 3 = gu(7,C), (2.2)
ceC ('Ul)
which corresponds to the mixed Gaussian distribution. In the above equation, the set C includes
all u x u diagonal matrices in which v; out of the uw diagonal elements are v% and the rest are
zero. Denoting the noise plus interference on the j* sub-band at the receiver side of the it! user
by zi; (the j™ component of Z;), it is clear that p.,(.) is not dependent on j. This is due to
the fact that the crossover gains are not frequency selective and there is no particular interest in
a specific frequency sub-band by any user. We assume there are L; + 1 (L; < 2V~1 — 1) possible
non-zero power levels for z; ;, say {azl}l]ﬁo. Denoting the occurrence probability of O'Z ; by aig,

Pz, ;(.) identifies a mixed Gaussian PDF as

22
z ex s 2.3
=3 Ao (- 23)

=0}, <0} <0}y <. < U?Li (02 is the ambient noise power). We notice that for each
[ >0, there exists a (;; > 0 such that ail =0+ GigP where 0 = (o < G1 < G2 < ... < (ir;- One

may write

where o2

N

Zij =Y hpiChjTh; + Vi (2.4)
k=1
ki

k'™ user has utilized the j'' sub-band, z

where ¢y, j is a Bernoulli random variable showing if the
is the signal of the k' user sent on the j*" sub-band (assuming it has utilized the j*" sub-band),
and v; j is the ambient noise which is a zero-mean Gaussian random variable with variance 2. The

ratio 2 is taken as a measure of SNR and is denoted by v throughout the chapter.
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2.2 Analysis of the Achievable Rate

Let us denote the achievable rate of the i*" user by %;. It can be observed that the communication
channel of this user is a channel with state s;, the hopping pattern of the i*" user, which is
independently changing over different transmission slots, and is known to both the transmitter and
the receiver. The achievable rate of such a channel is given by

R =1(&5; Gilsi) = > Pr(si = )& Gylsi = s1), (2.5)

Si€S;

where 1(Z;;9,|s; = s;) is the mutual information between #; and gy, for the specific sub-band
selection corresponding to s; = s;. The set S; denotes all possible selections of v; out of the u
sub-bands. As pz,(.) is a symmetric density function, meaning all its components have the same
PDF given in (2.3), we deduce that I(Z;;4;|s; = s;) is independent of s;. Therefore, to calculate
#;, we may assume any specific sub-band selection for the i*" user in S;, say the first v; sub-bands.

Denoting this specific state by s}, we get
X = UWZi;9;|si = s7). (2.6)
In this case, we denote 4; and &; by y,(s) and &;(s}), respectively. Obviously, we have
Zi = 1Zi(s7);9i(s7)) = h(g;(s7)) — h(Zi). (2.7)
Because ¥;(sf) and Z; have mixed Gaussian distributions, there is no closed expression for the
differential entropy of these vectors. As such, we provide an upper bound and a lower bound on

the achievable rate of each user in the following subsections and show that these bounds coincide

in the asymptotically high SNR regime.

2.2.1 Upper Bound on The Achievable Rates

In this section, we develop an upper bound %i(ub) on the achievable rate of the i*" user that is

tight enough to ensure that %i(Ub) — %; does not increase unboundedly as SNR increases. The idea

behind this upper bound is the convexity of %; in terms of pgi(s:)|@(s*)(.|.).

i

Theorem 1. There exists an upper bound on the achievable rate of the i*™ user given by

N
2P — 1’0@' H (1 - Ul) log | 1+ 7‘]”’1"27 +3§(Ub) (2.8)
¢ 2 P U Vi '
k#i
where lim~_, o z@?i(ub) < o0, i.e.,
N
u 1
%l( b3 v H (1 - —) log vy (2.9)
i



Proof. Let ; be the u x 1 interference vector where its j** component w; ; is a random variable
showing the interference term on the j* frequency sub-band at the receiver of the " user. We

have w; ; = Ek 1 hiick jxr . Clearly, w; is a mixed Gaussian random vector where the Gaussian
ki

components in its PDF represent different choices the other users make in selecting their sub-
bands. In fact, we have pg, (W) = MLZZ%Z 1 9u (W, Dim) where M; = [[;4 (;‘) and D;,, =

dlag(d( ) d(u)) in which?® d J) Ek 1 |hy.i e

ims " Am denotes the variance of w;; for the

k NETT
m™ realization of {ck j izi out of M; pos&ble realizations that is denoted by {ck jm}rxi. If the
probability density function of the interference vector consisted only of g, (., D; ), the forward link
of the i*" user would be converted into an additive Gaussian channel. The achievable rate of such

a virtual channel is given by

1, det (Cov(Z(s})) + Dim + 0*L,)

%im = -1
’ 9 %8 det (D 1m+a2l)
'Ul th P
= 7Og °
2 ngl(d() +U)

1 \hii|>P
= 3 ) log <1 + (> (2.10)

v; dz(fgz +0?)

One may also state this as follows. Let

Tm 2 {j:1<j <vid) =0} (2.11)
Then,
,‘Z;:m h'LZ
Gy = il 1o (1 o haal® 7) + Rim, (2.12)
2 V;
where

~ 1 |hii|2P
Him =5 > log <1 + ) (2.13)

(A4) 2
1§j§7}i5d§7j7)n7é0 Uz(dz',m +o )

and |7; ,,,| denotes the cardinality of the set 7; ,,. As each nonzero dl(al is proportional to P, it is clear

that lim,_ L@Lm < 00. We know that Z; is convex in terms of py, (531 (s Y(J1Z) = pz,(J — hi i)

3Note that as each user transmits independent Gaussian signals over its chosen sub-bands, the matrices {Di,m}xgl

are diagonal.
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[80]. Noting this and the fact that pz,(2) = ﬁ SMi  9u(Z, Dion + 021),

1
< E .
Z; < M mzlﬁl’m
M;
1 — |hiil*y ~(ub)
= [ S 1Tl ) S l0g (14 2T .
(Mz m1|7;7m‘> ? ( * (% >+‘@l ’

(2.14)

where ,@-(Ub) =1 Z%’:l L@/zm As each jlm saturates by increasing 7, one has lim, . f@i(ub) <

i M,
0o. Intuitively, ﬁ 2%2:1 |Zi.m| is the average size of the set of frequencies where the ith user is
transmitting and all other users are not transmitting. Since that the users choose the sub-bands
independently, the probability of only the i*" user choosing a particular sub-band is given by
i (1 — ). Since there are a total of u sub-bands, the average size is v; [Trrsi (1 — ). This

is proved formally in the following Lemma:

Lemma 1.

1 Al vk
S S () o

Proof. Defining A, ; 2{m:1<m< M, |Zim| =7} for each 1 <i < N and 1 < j < v;, one may
express the left side of (2.15) as

M; V4

f%}:whﬁzf%EjﬂAmy (2.16)

"' m=1 bj=1

Let F; be a random variable showing the number of interference-free sub-bands among the wv;

sub-bands selected by the i*" user. Using (2.16) and noting that Pr{F; = j} = |AT"’:|,

M; v;
1 1 1 ) ]
7 Z |7 | :Z]Pr{Fi:]}:E{Fi}' (2.17)
m=1 7j=1
Let us define
1 W,,=0
F,; & 7 (2.18)
0 W;;#0

for any 1 <7 < N and 1 < j <v;. Obviously, F; = 7" | F ;. As such,

Jj=1 J=1
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Since Pr{cy; = 1} = %,

N N
. . Vk
Pr{w; ; = 0} = Pr{z; ; contains no interference} = H Pr{c;; =0} = H (1 — ;) .
k=1 k=1
ki ki
(2.20)
This yields
N v
E{F;} = v [] (1 - f) , (2.21)
k=1
ki
which completes the proof of Lemma 1. O
Using this in (2.14), the proof of Theorem 1 is complete. O

2.2.2 Lower Bound on the Achievable Rates

In this section, we derive a lower bound on the achievable rates of users. The idea behind deriving
this lower bound is to invoke the classical Entropy Power Inequality (EPI). As we will see, this
initial lower bound is not in a closed form as it depends on the differential entropy of a mixed
Gaussian random variable. In appendix A, we obtain an appropriate upper bound on such an

entropy that leads us to the final lower bound on %;.
)

Theorem 2. There exists a lower bound t@i(lb on the achievable rate of the i™™ user which can be

written as

N
) 1~ (3 ~(1b)
Ky = v H (1 — ;) logy+ Z, (2.22)

)
k=1
ki

such that lim,_, o @i(lb) < o0, i.e.,

N
a™ 1L, I1 (1 - %’“) log . (2.23)

Proof. We define &, to be the v; x 1 signal vector corresponding to the first v; elements of Zi(s)).
Clearly, Z; is a Gaussian vector with covariance matrix U%Ivi- Let §; = h;;@, + Z; where Z; is the
noise plus interference vector at the receiver side of the i*" user on the first v; sub-bands. Using
EPI,

Q%h(ﬂé) > 2%h(hi,ii§) + 21,%.1”1(52) (2.24)
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Dividing both sides by 2% h(z) , we get
; 2 (h(hy ;@) —h(Z
On the other hand, since ¥, is a subvector of g;(s}), we have

T = (@ (1) G (1) = U@} 5) = h(F)) — h(2)). (2.26)

Comparing (2.25) and (2.26) yields

Fi = log <23i( (hii®)=h(Z)) | ) (2.27)

Clearly, h(h; ;%) = % 5 log <2F€M). As Z is a mixed Gaussian random vector, there is no
closed formula for h(Z}). Hence, we have to find an appropriate upper bound on h(Z}) to further

simplify (2.27). Using the chain rule for the differential entropy,
h(Z) <> h(ziy). (2.28)
j=1

Recalling the definitions of {ai,l}lL:io and {Czl}lL:Zo in the system model, the following Lemma yields
an upper bound on h(z; ;) for each 1 < j < w;.

Lemma 2. For every 1 < j < v; and for all values of vy, there exists an upper bound on h(z; ;)

given by

1—
h(zi;) <

5 108(Giz, v + 1) + log(v2meo) Zazlloga” (2.29)

Proof. In appendix A, we derive an upper bound on the differential entropy of a complex mixed
Gaussian random variable in (5.11). Modifying the result in appendix A appropriately for the real

mixed Gaussian random variable z; ;, we have

h(zi;) < Z a;log(2mea;, Z a;iloga;;. (2.30)

Noting that ¢;0 = o and 02.21 < 02(Q,Li'y +1) forany 1 <1< Ly,

1-—
h(z; ;) < log(g ;Y + 1) + log(v2meo) Zaz 1logai;. (2.31)

2
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By (2.27), (2.28) and (2.29),

L;
Vi 1 22 Zz:o a;loga; |hi,i |2’Y
9 08 e+ 1
2 0 (G, L,y + 1)t-ai0

L.
vi | (22 220 aitlogagy i

(1>

%> @™

28

2

1
470 | 1 —;a; 0 log . 2.32
R T ) puikiolog - (2:32)

L.
2 toa;loga;
2 Z:l:() 4,1 108 a4 | ‘hi,ilz

g
0i(Cip, A7)0

Defining @i(lb) = % log ( + ’y‘“iv‘)), we note that lim, 9372-(1]0) < 00. Combin-

ing this with the fact that a;¢ = H%ﬁl ( — %’“), the proof of Theorem 2 is complete?. O
1

One may consider the following generalization of the FH scheme. Let us assume that the users
are not restricted to choose a fixed number of frequency sub-bands in each transmission slot. In
fact, in each transmission slot the number of selected sub-bands can be any integer between 0 and u,
and the probability of choosing v € [0, u]NZ sub-bands by the i*® user is denoted by i Therefore,
the i*" user has two random generators. The first random generator selects a number v € [0,u] N Z
according to the probability mass function {u;,}=_,, while the other generator selects v sub-bands
among the whole available u sub-bands. This repeats independently from transmission slot to
transmission slot. Based on the arguments made at the beginning of this section, the achievable

rate of the i*® user can be written as
u
Ry =3 il Ei(57,): Gils50), (2.33)
v=0

where s7, denotes the state where the i*h user selects the first v sub-bands. Clearly, L(&i(s70):Yi(s70)) =

4n [78], we address another approach to propose a lower bound (looser than %i(lb) ) on the achievable rate of the

i*® user with the same SNR scaling as 2™

7
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0 for any 1 <¢ < N. Furthermore,

a;0 = Pr{z;; is interference-free}

u u u u N
Uk
= E E E E H”kﬂ)k(l_ﬂ)
v1=0 Vj—1=0v;41=0 vny=0k=1

[

LY e (1)

k=1v;=0

N u v
- I (1-)

k=1 v=0

k#1

N ~
— ;gl <1 - ;) (2.34)

where 7, £ > oo Vitk,s- Applying the results of this section, we get

- * — * 1
W(&i(s7,); Yi(s10)) 2 5000 log . (2.35)
By (2.33), (2.34) and (2.35),
u 1 N ~
%z ’:Z“ Z iﬂi,vv H (1 - ) lOg’y
v=0 k=1
ki
1. 7,
_ I _ Y%
= 50 11 (1 . ) log . (2.36)
k=1
leti

In fact, (2.36) demonstrates that the generalized FH scheme is equivalent to the FH scheme through
substituting {v;}¥, by {#;}}Y,. However, it is remarkable that in contrast to the FH scheme in
which {v;}¥, are integer values, in the generalized FH scheme {9;}, are real values. This provides
more flexibility in system design. The above observation motivates us to use this generalized
scenario in the rest of the chapter and we simply refer to it as the FH scheme. In this scheme, the

i*h user has a parameter U;, which can be chosen to be any real number in the interval [0, u)].

2.3 System Design

In this section, we find the optimum operation point for the FH scheme. This requires finding the

optimum values of {Ez}fil Based on the results established in the previous section, there exist
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upper and lower bounds on the achievable rate of each user that coincide in the high SNR regime.

As such, the achievable rate itself must be asymptotically equivalent to each of these bounds, i.e.,

N ~
1_ U
k=1
kA
where, based on the conclusion made at the end of section 2.2, the parameters {@}fil can be
adjusted to be any real number in the range [0,u]. By (2.37), the network sum rate can be
asymptotically written as
N
> % X SMG (3, - -+, Tw) log, (2.38)
i=1

where

N N ~
SMG (31, ,7w) 2 3 %@» 11 <1 - ”’“) . (2.39)

We call SMG (v1, -« ,0n) the sum multiplexing gain of the system. SMG (v1,--- ,0y) is a symmet-
ric function of (v1,---,7x) and has a saddle point at v; = & for 1 <4 < N. In a fair FH system,
it is required that v; = v for all 1 < i < N where v is any real number in the interval [0, u]. We

call v the hopping parameter in the randomized FH scenario. Hence, we define

SMG(v,N) £ SMG (v1,---,0n)

Vz’:'ﬁi:v
N v\ N-1
= So(1-2) . 2.40
2 v ( U ( )
Maximizing this in terms of v yields®
U
Vopt = N (241)

Setting v = vopt, the highest sum multiplexing gain of the fair FH scheme is given by

1 1\ N-1
sup SMG(v, N) = U (1 - N) . (2.42)

It is remarkable that § may not be an integer. If we do not adopt the generalized FH scheme, then

all users must hop randomly over sets of ¥ = max { &1 1} frequency sub-bands. This results in a
sum multiplexing gain of %ﬁ (1 — %) ~' This is generally less than %u (1 — %)N

the generalized FH scheme in case § ¢ Z, each user only needs to hop randomly over different sets

- By adopting

of frequency sub-bands of cardinality || or [§]. In fact, each user has two random generators.

5Computati0n of vopt requires that all transmitters know the number of active users N in the network. This is

more discussed in section 2.4.
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The first random generator selects one of the numbers || and [{] with probabilities p and 7,
respectively, such that p| % | + [ ] = & or equivalently 4 = [{] — . Let us assume the first
random generator has selected a number a € {[+],[+]}. Then, the second random generator
selects a subset of cardinality ¢ among the u frequency sub-bands. Doing this independently from
transmission slot to transmission slot, the sum multiplexing gain given in (2.42) is achieved.
Observation 1- One might suggest another well-known utility function that is popular in the
game theory context, namely the proportional fair function, which is defined as Zfi 1 log Z; . We

have

n N 1 N 7
% ~ k
g log Z; ~ E log Ui H (1 — u> log ~y
=1 i=1 k=1
|
N N ~
~ U
= E log | =v; (1 — > + N loglog~
=1 k=1 u
k#i

(2.43)

It can be easily verified that Zfi , log (%@ H]kvzl (1 — ff)) has an absolute maximum at v; =
for 1 <3< N. 7
Observation 2- As we will discuss in more detail in the next section, the number of active users
in the system is in general a random variable N with realization V. Although users in the FH
system can use their knowledge about the number of active users to adjust the hopping parameter
(as explained earlier in this section), one may devise a sub-optimal rule to fix v = v* given by
v* =arg max E{SMG(v,N)}, (2.44)
ve[0,u]
where the expectation is with respect to the number of active users in the network. This selection
of v by all users makes the system robust against changes in the number of active users in the
network®. We call this version of the FH system the robust randomized Frequency Hopping. We
remark that the rule in (2.44) is a particular design approach for the robust FH system. In the
next section, we consider another design rule based on maximizing the average of the minimum

multiplexing gain per user in term of the number of active users in the network.

In fact, the transmitters use their knowledge about the instantaneous number of active users only to regulate

their transmission rates. This is explained in (2.50).
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2.4 Comparison of the robust FH scenario with the FD scheme

In a centralized setup, under the condition that no user is aware of the other users’ codebooks
and the number of users is fixed and known to the central controller, it is shown in [9] that if the
crossover channel gains are sufficiently larger than the forward channel gains, then every Pareto
optimal rate vector is realized by Frequency Division for all ranges of SNR. However, in realistic
scenarios, the number of active users is not fixed. This degrades the performance of the FD scheme
as it is designed for a specified number of users. In particular, if the number of active users is less
than the designed target of the FD scheme, a considerable portion of the spectrum may remain
unused. This encourages us to compare the performance of the proposed robust FH scheme with
that of the FD scheme in a setup where the number of active users is a random variable IN with a
given distribution”. The realization of N is denoted by N as before.

To perform the comparison, we introduce three different performance measures. In the following
definitions, the sup operation is over possible adjustable parameters in the system, e.g., the hopping
parameter in the robust randomized FH scenario. All expectations are taken with respect to IN.
We define g, 2 Pr{N = n} for all n > 0. It is assumed that the maximum number of active users

in the network is nmax, i.e., Pr{IN > npax} = 0. We usually take gy = 0 unless otherwise stated.

e Average Sum Multiplexing Gain, which is defined as

77(1) & qup Tim E {Zg1 %z}

= E{SM 2.4
Jim Tog sup E {SMG}, (2.45)

78
K

N
where SMG = lim,, Zfozglv is the sum multiplexing gain.

e Average Minimum Multiplexing Gain per User, which is defined as

n? £ sup lim {minicicn Z}. (2.46)
Y—00 log~y
e Minimum nonzero multiplexing gain per user, which is defined as
R
n® £ min min lim — (2.47)
nign#0  Nsev=n 7—00 logry
1<i<n

where Ny denotes the number of active users receiving service (i.e., their multiplexing gain

is strictly positive).

7 As explicitly mentioned in the system model, the number of users is assumed to be fixed for the whole transmission

period of interest.
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The FD system is designed to service a certain number of active users. We denote this design
target in the FD scheme by nges. Therefore, the spectrum is divided to nges bands where each
band contains ﬁ frequency sub-bands. This requires that u is divisible by n4es, which is assumed
to be the case to guarantee fairness. Each user that becomes active occupies an empty band. If
there is no empty band, no service is available. In case nya.x < u, the central controller in the
FD system sets ndes = Nmax to ensure that all users can receive service upon activation®. In case
Nmax > U, the central controller sets nges = u to guarantee that as many users receive service as
possible. Therefore, n4es = min{nmax, u}. In fact, one can show that selecting nges = min{nmax, u}
maximizes the service capability in the FD system. Service capability is measured by E {%}

Due to the nature of the randomized FH scheme, as far as the hopping parameter v is strictly
less than wu, all users receive service, while if v = v and N > 1, no user receives service, i.e., the
multiplexing gain achieved by any active user is zero. As such, to get the largest service capability
in the FH scenario, we require v € (0,u). As an example, if v* in (2.44) is equal to u, the service
capability will be less than 1. To avoid this, we set the hopping parameter v = v* — § = u — ¢ for
sufficiently small § such that the performance of the robust FH is still above the performance of
the FD scenario.

Note that the comparison between the robust FH and the FD schemes is a fair comparison
based on the following facts:

1- Both schemes are required to achieve the largest possible service capability. This is enforced
by setting v € (0,u) and nges = Min{nmax, u} in the robust FH and FD scenarios, respectively.

2- The hopping parameter v in robust FH and the number of bands n4es in FD are both designed
based on the distribution of the number of active users rather than the realization of the number
of active users itself.

o Average Sum Multiplexing Gain

This measure is a meaningful tool of comparison if ny,.x < 0co. Hence, we assume ny.y is a finite
number and u is a multiple of nyay in this subsection. It is easily seen that the sum multiplexing

gain in the FD scenario is

N u
o= N <
SMGrp (nde57 N) = 2 Zdes = fldes . (2.48)
5 N > Ndes

By (2.40), SMGrg (v, N) is given by
1 v\ N—-1
SMGen (v, N) = Nv (1 - f) . (2.49)
u
As mentioned earlier, a candidate for robust hopping strategy against changes in the number of

active users is the one given in (2.44). It is notable that although the value of v is fixed at v*,

8We assume u is divisible by nmax in this case.
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any user regulates its transmission rate based on the instantaneous number of active users to avoid
transmission failure. Using the lower bound on the achievable rate of the i*" user given in (2.32),

it is shown in appendix B that the i*! user may select its transmission rate R; as

—2(N=1) (0« ZUL1=0T)
D (00 + ZEG72) 2
) +1 (2.50)
L P G
v; (7723§,1‘Jh”’” +1)

2

v,
R;=E{ - log

where v; is a random variable taking the values |v*| and [v*]| with probabilities [v*] — v* and

*

v* — |v* ], respectively. The quantity ¢J,+ is defined as
T (%) v*eN

o 2 { @ L)) o (120) + (o] — oo (1) o g 220

It is seen that the quantities the i'" transmitter needs to evaluate R; are |h; |, D it |hji|* and N.
The " receiver sends these required data to its transmitter via a feedback link. It is shown in
appendix B in [78] how the i*! receiver can estimate N and {h;;};.; using a combined technique
based on the method of moments and maximum likelihood estimation [83]. In this work we as-
sume the " user has perfect knowledge of N and the channel gains {hﬂ}év: 1- In section 2.6, we
relax this assumption partially by not requiring any knowledge about the channel gains and the
number of active users at the transmitters. Moreover, regulating the transmission rate at R; by

the i*® user for any realization N of N, one may observe that an average sum multiplexing gain of

*

E {Nv* (1- %)N_l} is achievable.
We present an example to compare the performance of FH with that of FD in terms of n().
FEzample 1- Let us consider a network where ny.x = 2. The central controller in the FD system

sets nges = 2, and according to (2.48), 171(71]% = E{SMGrp(2,N)} =15 + @25 = %u. Based on

(2.49), E{SMGru (v, N)} = 3q1v + gov (1 — £). Using this in (2.44),

q1+2g2 <9
v* = arg max E{SMGpg(v,N)} = agy =2 (2.52)
velu uooq>2q
Therefore,
(QI+2q2)2 < 2
M = sup B{SMGru(v, N)} = E{SMGru(v', N)} =§ 1o % @1 =780 (g.53)
ve[0,u] Su Q1 > 2q2

It is easy to see that 771(;% > 771%% if and only if g1 > 2g9, or equivalently, ¢; > % We note that in this

case v* = wu, i.e., all users spread their power on the whole spectrum and no hopping is performed.

This makes service capability be strictly less than %100 because, if both users are active, none of
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them receive service. As such, we take v = u — §. To ensure that the performance of the robust

FH scenario is above that of the FD system, we require

1 -9 2
§q1(u— 5) + q2(u — 9) <1 v " ) > ql—z 2, (2.54)

1-20-4)

As far as § < §, (2.54) is equivalent to q; > 2QQ177275H. This is a more restrictive condition
than g; > 2¢o which is the cost paid for having full service capability. [J

o Average Minimum Multiplexing Gain per User

This measure can also be written as

SMG }

n® =supE {N]I {Nserv = N} (2.55)

In fact, if Ngov # IN, there exists at least one user that achieves no multiplexing gain. Therefore,

the minimum multiplexing gain per user is zero in this case. However, if Ny = IN, all users

achieve a nonzero multiplexing gain. This measure can be used whether ny,.x is finite or infinite.
In case of the FH scenario, the rule to choose the optimum value of the hopping parameter v,

denoted by v, is given by

vy = arg max E

{ SMGFH (U, N
v€E[0,u]

) _
BN (N = N}} | (2.56)

In this case, the transmission rate of the 7" user is given by (2.50) where v* is replaced by wvs.

In general, it is hard to determine v* or v, analytically for nmy.x > 3. Therefore, one can not ob-
tain a closed characterization for the regions {{qn}Z‘;‘}" : 771(;1% > 7]%11%} and {{%}ZE‘? : 771(;2% > n(FQ) }
We aim to derive sufficient conditions on {g,},™5* (inner bounds to the mentioned regions) such

that 771(7% > 17%1]% or 771(?2& > 77%2]%. Our conditions only involve E{N} and npax.

Proposition 1. If
1
E{N} < I ((€* = D)nmax) » (2.57)

then, 77}(?11% < 17%% Also, As far as

1 1o\ PV g
BN <1 — E{N}> > — (2.58)

we have n(FQI% < 17%2121

Proof. See appendix C. O
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For example, if nyax = 10, g1 = 0.22, g0 = g3 = g4 = 0.24 and g5 = g5 = --
one has E{N'} = 2.78, which satisfies (2.58). Therefore, we conclude 771(;2% > 17%2]%.

(2)

- = qio = 0.01,
Computing these

quantities directly, we get nupy = {5 and
10
@ _ 1 ( _ E)”‘l
T =g {Zq
@ 1 3 9
a
= = 1-— 0.22+0.24 »+0.01 n
2uwvrréz[10)’(u( wy) ( + Zwv + Zwv>
n=1 n=4
© 011210 (2.59)
where in (a), we define w, £ 1 — 2 and (b) is obtained by setting w, = 0.28, or equivalently

(2)
v = v, = 0.72u. This yields IF = 1.7936.
Fp

We consider an example where nyax is not finite.

Example 2- We assume a Poisson distribution on the number of active users, i.e., ¢, = e_nﬂ
for n > 0 and A > 0. We have
M N
E{SGFH(U’)H{NSGWFH — N}}
N )
(i) E SMGFH(U,N)
N
1 e A 1 v\n—1
T2 z:l n! v ( B E)
1 v e\ v\
21—-2 ; n! ( U
© L_v (A0 o
= 31 i e e
e M1 —wy) (M —1)
= . 2.
20, u (2.60)

In the above equation, (a) results from the fact that I {Ngev,ru = IN} = 0 whenever v = u and
N > 1, however, SMGrp (v, N) = 0 in this case. Also, (b) follows by the fact that E{e!N} = eMe'~1)

L

for any ¢t € R and we have defined w, = 1— 7. It can be easily seen that the optimal v = v, satisfies

the nonlinear equation e v = 1 — \w,, (1 — w,,). Solving this for v,, we find out that v, is not

equal to u for all A > 2. The following table lists the values of w,,, the values of v, and also the
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(2)

corresponding average minimum multiplexing gain per user 7y for A € {3,4,5,6}.

A 3 4 ) 6
wy, | 0.4536 | 0.6392 | 0.7347 | 0.7912 (2.61)
ve | 0.5464u | 0.3608u | 0.2653u | 0.2088u | ‘

7]1(;2% 0.0869u | 0.0615u | 0.0467w | 0.0374u

The FD system aims to serve as many users as it can. Since it is not possible to serve more than
u users, the number of bands is set at nges = u. Therefore, Ny pp < IV if and only if N > u.
Using this and by (2.48),

SMGED (N des,
77%2]% — FD des )]I {Nserv FD = N}}

_ { MGFD“N)|N§U}Pr{N§u}

u f)\An

= 5 - (2.62)

n=1

We have sketched 171(:% and 17( ) in terms of \ in fig. 2.1 for u = 7. It is noticeable that 771(;2& scales
(2 )

linearly with u. However, nyp is always less than % no matter how large u is. As u increases, the
advantage of FH over FD becomes more apparent. [

o Minimum nonzero multiplexing gain per user

The minimum nonzero multiplexing gain per user is the smallest nonzero multiplexing gain
that a user in the network attains for different realizations in terms of the number of active users.
Assuming np.x < oo, this happens when there are exactly nmax active users in the system. As
the FD system is already designed to handle the case where n,. users are present in the network,
the minimum multiplexing gain per user is automatically higher in FD as compared to FH. Setting

3 max
Ndes — Mmax, WE have T]]g‘]% = SMGFD(u’n ) _ U

. In the case of FH, we assume that all users

Mmax 2Nmax
SMG n Nmax—1 (3)
3 FH | 7o Mmax
select v = . Hence, n( ) = ( ) =54 (1- L . Clearly, 1 < "8 <1
Nm Mmax 2Nmax Mmax € 77%]%

Nmax—1
S (1 — ) approaches % from above by increasing na.x. Therefore, the loss incurred in

T'max

terms of 77(3) for the FH system is always less than é

2.5 Adaptive Frequency Hopping

The results of the previous section are obtained based on the assumption that the hopping parameter

v is fixed and is not adaptively changed based on the number of active users. The performance of
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Figure 2.1:

Curves of gy and npp in terms of A in a network with u = 7 sub-bands.

the FH system can be improved by letting the transmitters adapt their hopping parameter based on

the number of active users using (2.41). We refer to this scenario as Adaptive Frequency Hopping

(AFH). In the following example, we study the performance improvement offered by AFH over FH

in terms of n") and n®,

Ezxzample 3- Let us assume that the number of active users is a Poisson random variable with

parameter A > 1. To compute v* in the FH scenario, we have

E{SMGpg(v,N)} =

Therefore,

—A\n n—1
1 ¢ nv (1 — E)
2~ n! u
S vyn—1
- = 1— -
2" 2= (n—1)! ( u)
1 e\ v\
S S oo
= e (2.64)
2
v* = argmax E{SMGpp(v, N)} = % (2.65)
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Figure 2.2: Plots of WSI;H and 77%1})1 in terms of X for v = 10.

Since X # 1, we get v* # u. Thus, choosing v = v* guarantees a %100 service capability. Finally,

1
mg = 5 (2.66)
By (2.42),
X _Ayn _
1 u e A 1\n—-1
=g (1- ﬁ) - (2.67)
n=1 ’

1) (1) (

Figure 2.2 shows the plots of 1y and 1,y versus A for u = 10. It is observed that nF) does not

(1)

change with A, while 7, ¢y decreases by increasing A. This indicates that in a crowded network

(large \), AFH does not provide any significant advantage over FH in terms of ().

2) .

We have already calculated 7y in example 2 in a system where 3 < A < 10. Also,

e A\ n—
S =
1

n! n

n=

Figure 2.3 presents the plots of 7]1(7% and ng%H versus A for u = 10. Both 7]( ) and n/(f%H decrease by
(2)

increasing A\. However, the ratio nA(g)H decreases as A increases. This indicates that for large values
P

of A, AFH does also not provide any significant advantage over FH in terms of (?). O
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2.6 Analysis of the Outage Capacity

As shown in section 2.4, the transmitter of the i*® user requires N, |h; ;| and >t |hji|? to regulate
its transmission rate. Assuming the transmitters are not aware of the channel gains and the number
of active users in the network, the Shannon capacity is not meaningful anymore. In this case, a
suitable performance measure is the e-outage capacity, denoted by R(e), which is defined as the
maximum transmission rate per user ensuring an outage probability below . Throughout the rest
of the chapter, N is considered to be a realaization of the random variable IN. Also, we assume

the channel gains {hi,j}%:l are realizations of independent and circularly symmetric zero-mean

N
i,j=1"

complex Gaussian random variables with unit variances denoted by {h; ;} Accordingly, (;;
and a;; are realizations of the random variables Ci,z and a;; for 1 <i < N and 0 <1 < oN-1_ 1,
Since the channel gains are complex, we consider the randomized FH scheme in the complex setup
where users transmit independent and circularly symmetric complex Gaussian signals. This causes
minor changes in the formulation of the bounds developed earlier. For tractability reasons, we
only deal with the primary version of randomized FH, i.e., all users only hop over a fized number
v = v9 = --- = vn = v of frequency sub-bands from transmission slot to transmission slot where

0 < v < wu is an integer. Moreover, L; = 2N—=1 _ 1 ig a realization of L; = 2V-1 — 1.
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— — t
Let h; contain the channel coefficients concerning the i*" user, i.e., h; = (hl,i -+ h N,i) . In

this case, we denote the achievable rate of the i*" user by %’Z(FL,) The outage event for this user is
Oi(R) £ {hi : Zi(h:) < R}, (2.69)

where R is the transmission rate. Hence,
R@)z&m{R:HﬂOAM}<5} (2.70)

We emphasize that the randomness of the number of active users is involved in the outage event,
as IN represents the size of le Moreover, due to symmetry, the e-outage capacity is the same for
all users.

Since there is no closed formula for %;(h;), we need to provide a lower bound %i(lb)(l_ii) on
%;(h;). Subsequently, using %flb)(ﬁi), we derive a lower bound on the outage capacity of the it
user as sup{R : Pr {EZ : ,%’i(lb)(f_ii) < R} < 6}, and show that this lower bound is higher than the
actual outage capacity in the FD scheme in many scenarios.

We have already developed a lower bound on %’,(ﬁz) in Theorem 2. In the following, we improve

this lower bound to obtain better results in terms of outage capacity at a certain finite SNR level.

2.6.1 Lower Bounds on e@z(fzz)

Following the same lines as in the proof of Theorem 2,
- h;i|*P
Zi(h;) > vlog (Mz—h(%) + 1> : (2.71)
v

We start with the following Lemma.

Lemma 3. There exists an upper bound on h(z;1) given by

L;
h(z1) Zazllog me(Ci P +o )) + 9 — 6, (2.72)
1=0
where
L;
- Zaivl loga;; (2.73)
1=0
and

L.
1 : (Ciny+1) Xl @im
B E — ilog [ 1+ m= ) 2.74
FEES ;a 11og < ari (2.74)
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Proof. See appendix A. O

Applying Lemma 2 to (2.71), we obtain a lower bound on Z;(h;) as

2=9i9Gi|p. |2
- |hii| Va, 1)
UH[:H(Cz‘,l’Y + 1) i

2 (hi) 2 vlog < (2.75)
We make the following observations:

Observation 3- It can be immediately verified that $); does not depend on the crossover gains.
However, &; is implicitly a function of all crossover gains as the partial sums Zi;il a;,, for
2 <1 < L; depend on the ordering of the crossover gains. This will be investigated more in Lemma
3.

Observation 4- Since HlL:H(Cz’,ﬂ"’ 1)%it < HlL:i1(Ci,Li’Y+ D%t = (¢; 7+ 1)(1=@i.0) one obtains

a looser version of %Z(l)(ﬁl) given by

(2.76)

. —-9Hi90-6;|p. .|2
%Z-(z)(hi) £ ylog < 2722 bl ™y 1) .

v(¢; p,y + 1)
We note that %}2)(51) still has the same asymptotic expression as that of %fl)(ﬁz) in the high
SNR regime. As we will see later, the computational complexity of the lower bound on the outage
capacity obtained by using %1(2)(52) is much lower than that of %Z(l)(i_iz)

As explained before, &; depends on the ordering of {¢ i,l} ZI’:iO, which requires analyzing the order
statistics of the channel gains. To avoid this, the following Lemma introduces a lower bound on &;
that only depends on (; f,..

Lemma 4. Let B be a Binomial random variable with parameters (N — 1,p) where p = . Then,

$H; = (N —1)7 (p) (2.77)

(Es {log (1 + (1-7) ¢;1,7)} = (N = 1)plogp).
(2.78)

Proof. As L; = 2N=1 — 1 with probability 1 and each user selects a certain frequency sub-band
with probability p, the collection {au}lL:io consists of the numbers p/ (1 — p)N =177 repeated (Nfl)

times for 0 < 5 < N — 1. Hence,

N-1
$ = =) Pr{B=j}log(p/(1-p)N ')
§=0
= —(N —1)plogp— (N —1— (N —1)p)log(1 —p)
= —(N —1)(plogp+ (1 —p)log(l—p)). (2.79)
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As for &;, computation of Zln;io a;m, is not an easy task. In fact, it depends on the ordering of

the crossover gains. For example, if N =4, =4 and i =1,

2 < |hg1|? 4 |h3a|? < [yl
2 < |hyn? < |h2a|? + |hsa|?
(2.80)

To avoid this difficulty in describing &;, we derive a lower bound on this quantity, which is not

3
S ar, = (1—pP+2p(1 —p)2+p*(L—p) |hoa|*> <|hs:
I
= (1—p)®+3p(1 —p)? |ho1|? < |h3a

sensitive to the ordering of crossover gains. Taking each a;;, there exists a 0 < n < N —1

such that a;; = p"(1 — p)N=1=". This implies that a;; corresponds to the interference plus noise

|y, ]2 . . . .
power level MP+U2 for some 1 < j; < -+ < jp < N where jp # i for 1 < k <
. T |hy, al? oy 1Ry al?
n. Since MP + 02 > ZtEAg{l’Q’U iny 1| P + 02 for any set A C {1,2,--- ,n}, and

Zt€A§{1,2,-~ ,n} Ihjt’i‘2
v

frequency sub-band, we conclude that its associated probability p|A|(1 —p)N 1= is an element

P + 02 is itself a power level in the PDF of the noise plus interference on each

in the sequence (a;,@; 1, - ,a;;—1). Therefore, we come up with the following lower bound,
-1
oam = > pAa-pNH
m=0 AQ{LQ, 1”}
n—1 n
= > <n/>p” (1—p)N1, (2.81)
n'=0

Using (2.81) in (2.74), one can develop a lower bound on &; as in (2.82).

r B —)p" —l-n (oo, D (5 a—pN -1
®i =2 Ci»LilV'H 27]‘\;11 <Nn 1>p (1 - p)N ! log (1 + b pn(l_gzg)w)fl—n g )

n—=1 (n\ n'(q_, yn—n'
= - 1 ZNfl (N—l)pn<1 —p)N_l_” log (1+ (CoL D) ()P (1-p) )

Cz LZ’Y+1 n=1 n p"
N-1
1 N-1\ , N—1-n ( (1 =p") (Y + 1))
= — p'(l—p log | 1+ —
i (o Jr e ;
-1
1 N - 1) n N-1-n
= - np"(1—p) logp
N-1
1 N -1
¥ ( >p"<1 ~ )N og (14 (1 - P g
Gy +1 7;) n ( L)
_ Ep{log(1+(1-p")¢;7)} — (N — Dplogp (2.82)
Cir,y+1 ' '
This concludes the Lemma. O
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From now on, we replace &; by Qiz(lb) defined in (2.78) in all expressions offered for the
lower bounds on %;(h;). We denote a;o, $; and s by a(v, N) = (1— 2)N_l, $H(v,N) and

7 U

s (v, N) respectively”; to emphasize their dependence on v, IN.

(2

As a special case, let us assume v = wu, i.e., all users spread their power on the whole spectrum.
This scheme is called Full-Band Spreading (FBS). In this case, it can be observed that a;; = 0 for

-

I < L;—1anda;r, =1. This yields a(u, N) = $H(u,N) = 6(lb)(u, N) = 0. In fact, %52)0”) is

)

tight for v = u, i.e., %1(2)(51) is exactly the achievable rate of the i*® user when all users transmit

over the whole spectrum. We denote this rate by %; rps(h;), which is given by

il *y
U (Ci,Lﬂ I 1)

%i,FBS(Ei> = ulog +1]. (2.83)

u

Observation 5- A straightforward method to develop a lower bound on the achievable rate in
an additive white non-Gaussian noise channel is to replace the noise with a Gaussian noise of the

same covariance matrix [82]. Following this approach, it is easy to derive the following lower bound

-

on %z(hz)a
Ry
v (Ci,;f/ + 1)

where the index “g” stands for Gaussian. There are two facts that are worth mentioning about

%zg(f_iz) 2 vlog +1 (2.84)

ﬁlg(ﬁl) First, it is seen that lim, %,g(ﬁ,) < 00. Another point is that %’”g(i_il) is an increas-
ing function of v. However, setting v = w in the expression of %zg(ﬁz) yields the expression of

i pes(hi). Therefore, for all realizations of the channel gains and all ranges of 7,

R g(hi) < R pps(hi). (2.85)

-

This indicates that using %; ¢(h;) as a lower bound on the achievable rate of users in the FH scheme

provides no proof of advantage for FH over FBS.

2.6.2 Lower Bounds on Rpy(c) and System Design

Based on the preceding discussion, we can derive lower bounds on Rpy(e), namely RS&(&) and
R(FQP)I(s) associated with the lower bounds z%’i(l) (h;) and %52) (Rh;) respectively. Consequently, we can
obtain estimates of the optimum hopping parameter'® by maximizing RSP)I (e) or R%)I (e) over v. In
the following subsections, we separately compute RS&(@) and R% ().

1- Computation of Rg&(s)

9We note that a; o and $; are similar for different i, however, QSEIb) depends on ¢ through Zj# [P il?.
0The optimum hopping parameter is the value of v that maximizes Rrg(e).
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We start with the following definitions.
Definition 1- Let n € N. For p € [0,1] and b > 0, the function a,(.;b,p) : Rt — R* is defined
by
Ep {log (1+ (1 —p®)bd)} — (n — 1)plogp
0;b,p) = 2.86
an( ) 7p) bo + 1 ) ( )
where B is a Binomial random variable with parameters (n — 1,p). O

Definition 2- Let n > 2 be an integer. For by < 0, bg > 0 and p € [0, 1], we define 1, (b1, ba, p)

as

n—1 (n”;l)
V(b1 b2, ) = / eXP <b12_an(9n_lﬁ1;b2,p) H H (020, m’ + 1)6m,n(p) — 9n_1,1)d91 .db,
(0,00 m=1 m'=1
(2.87)
n—1
where for each m, {9m7m/}7(n,"; 1) consists of all possible summations of m elements in the set of
dummies {0;}7= and fnn(p) £ p™(1 —p)"~ 1. O

For example,
(b1, b, p) = / exp <b12_0‘2(9?b2’p)(b20 +1)P — 9) do, (2.88)
0

and

3(by, ba, p) = / exp (612“3”2’1;”2@((1)291+1>(b292+1>)p(1p>(b292,1+1>p2 —92,1)d01d02,

01,602>0
(2.89)
where 621 = 01 + 02 by definition.
The following Proposition offers an expression to compute Rgll){(s).
Proposition 2.
R (e) = sup {R : E4(R) > &} (2.90)
where
v (172%> T'max
EI(R> =qe” + Z ann(bl,mb%p): (2'91)
n=2
2% (v,n) 1_2%
bl,n:g >U,62:% andp = 2.
Proof. See appendix D. O

The expression given in (2.90) is quite complicated. On one hand, the multiple integrals do

not have a closed form. On the other hand, the maximization max, R%ll){(s) must be computed
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numerically. However, Rgﬁ(s) is the best lower bound on Rpu(e) as ,@Z(l)(f_il) is the best lower

bound we have found on the achievable rate of the i** user in the FH scenario.
2- Computation of R(F2I){(€)
We start with the following definition.
Definition 3- Let n > 2 be an integer. For by < 0, by > 0 and py,p2 € [0,1], we define

(bn(bh b27p17p2) as

1 o0 .
Pn (b1, b2, p1,p2) = w2 / 0" 2 exp (by (bo0 4 1)P127»O0272) _ g4, (2.92)
o)1 J,

Using this class of functions, the following Proposition yields R(FZP)I ().

Proposition 3.

R(e) = sup {R : E5(R) > &}, (2.93)
where
— 2(1—2%) ey
‘:2(R) =qe” + Z nPn (bl,’m b2,]91,n,]92), (294)
n=2

p1n =1—a(v,n), po =2 and by, and by are given in Proposition 2.

Proof. The proof follows from similar steps along the lines of the proof for Proposition 2. O

Comparing the expressions for RSP)I(E) and R%ZP)I(e), it can be observed that computation of
Rg&(s) involves only single integrations, while the computation of RS&(&) involves iterated inte-
grations that are not tractable for many cases. To further reduce the complexity of computation, the
following Corollary yields another lower bound on Rpp(e) that involves no numerical integrations.

We denote this lower bound by R(Fgﬁ(a).

Corollary 1. Let

RP)(e) 2 sup {R: Z3(R) > 7} (2.95)
where .
= — N _ 1—a(v,n)
Z3(R) = Y gnoxp (bl,n((n )by + 1) ) (2.96)
n=1

and by, and by are given in Proposition 2. Then,
Ren(e) > REj(e) > RE(e) > R (). (2.97)

Proof. See appendix E. O
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Figure 2.4: Sketch of max, Rg‘g(a) (bits/transmission slot) for k& = 1,2,3 in a setup where
(q1,92,93,q4) = (0.4,0.2,0.2,0.2), v = 8 and v = 20dB.

Figure 2.4 shows the three lower bounds max, Rg%(a) on max, Rpp(e) for k = 1,2,3 in a system

where, at most, four users become active simultaneously with (¢1,¢2,q3,q4) = (0.4,0.2,0.2,0.2),

u = 8 and v = 20dB. As can be observed from this figure, max, Rgﬁ(s) and max, Rl(??ﬁ(e) are

pretty close to each other while they are within a considerable gap to max, RSP)I (€), especially for

larger values of . It is notable that the maximization over v is performed separately for each .

2.6.3 Asymptotic Analysis

Having the expression for the e-outage capacity, we can find the best operational point of the system
in terms of v, the number of selected sub-bands. For this purpose, we consider some asymptotic

cases in terms of € and ~ and discuss the optimum value of v in these regimes. As the expressions of

RS& (e) and Rg;(s) are not analytically tractable, we use R(Fsﬁ(e) for our analysis. For simulation

purposes, we use Rgﬁl (e) or Rgi(e).
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Asymptotically Small ¢

In this case, one can easily show that lim._g RS’I){(E) = 0. Therefore, in (2.95), we can approximate

R
(1—2 G )v .
v

y — 212 and hence,
5

v(12% In(2
e”<1 2> R~ 1—R:(). (2.98)

By the same token, the term on the right side of (2.95) can be approximated as

T'max

Z qn €Xp (bl,n((n — Dby + 1)1—a(v,n)>

n=1

Tmax Rln?2 1 1—a(v,n)
> gnexp (—;2”(”’”) <n —7+ 1)
n=1

ian (1 - R}Yn2f(v,n,7)> , (2.99)

n=1

Q

—
S
N

Q

where (a) follows from the fact that the term

1 1—a(v,n)
Flv,n,~) & 29@n) (n . + 1) (2.100)

does not depend on . Using (2.99) in (2.95) yields

(3) ey
R%) (e) ~ . (2.101)
i (ZZZ?* qnf(v,n,’y)> In2

One can observe that the function f(v,n,7) is concave in terms of v for all n > 1. Hence, the
function g(v) £ S "m2x g, f(v,n,7) is concave as well. As such, the minimum of g(v) occurs either
at v =1 or v = w. In partiular, for v = 1 to be the optimum value, we must have g(1) < g(u) or

equivalently,

DTS I ACES

n=1
E{N} -1
L BV}
u

-1 v, (2.102)

n—1
where we have used the fact that 29007 = ((17;11> .
uU— u

Figure 2.5 offers the curves of R(Fll){(e) in terms of v for ¢ = 0.01,0.05 and 0.15. The underlying
network is characterized with ¢ = g2 = 0.5, u = 10 and v = 20dB. It is seen that for ¢ = 0.01,
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Figure 2.5: Sketch of R%lﬁ(a) (bits/transmission slot) for different values of € in a network with
(q1,92) = (0.5,0.5), u = 10 and ~ = 20dB.

taking v = 1 yields the best performance. As far as ¢ = ¢o = 0.5 and for sufficiently small e,

u

the equation (2.102) simplifies to (u_ﬁﬁ < ﬁ (1 + %)“ Setting u = 10 yields 7.052dB as the

minimum SNR value that guarantees v = 1 is the best choice. Since v = 20dB > 7.052dB, we
expect v = 1 is the best choice, which is confirmed in the plot. However, as ¢ increases, we move
away from the asymptotically small € region and v = 1 is no longer an optimal choice.

Asymptotically Small ~

In this case, one can easily show that lim g RS’& () = 0. Therefore, similar to the previous case,

(1—2§)v

we can use the approximation

Rln2
o _rime (2.103)
v v
Defining 7 = exp (—@), one can rewrite (2.95) as
Tmax
R%SI){(g) A sup {R : Z g/ O > E} , (2.104)
n=1
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where f(v,n,7v) is given in (2.100). As 7 is a decreasing function in terms of R, we can write

Ri(e) = —“El(;*), (2.105)
where
7 = inf {T : ni: g > 5} : (2.106)
n=1
Therefore,
max Rg%(s) ~ —& In (mvin T*) . (2.107)

It can be shown that min, 7* occurs when f(v,n,7) takes its minimum value over v for each n.
But, as v < 1, the term ("Tflfy + l)l_a(v’") ~ 1 and hence, f(v,n,v) ~ 29" which is uniformly

minimized for all values of n by taking v = w. This gives 7* = £, and hence,
R (e) ~ —yloge
rn(e) = —vloge. (2.108)

This is exactly the outage capacity of a point-to-point system without interference. Therefore, in
the low SNR regime, interference has no destructive effect on the outage capacity justifying the
optimality of v = wu.

Figure 2.6 presents the plot of Rg&(o.l) versus v for v = —10dB in a system with ¢ = g2 = 0.5
and v = 10. It is seen that v = u = 10 is the best choice, which is expected by our analysis. Also,

we observe that the outage capacity is not very sensitive to the value of v.

Asymptotically High v

Recalling the expression of Rg% (e) given in (2.95), we have

R](:—?I?I(E) = sup {R . Z qne—%f(v,n,’y)(QR/v_l) > E} ) (2109)
n=1

As v — o0, the term f(v,n,7) grows polynomially with ~ for any n > 1. The outage event is deter-
mined by the term with the maximum f(v,n,~). In fact, since f(v,n,~) is an increasing function in

i Tmax —Ef(’l)ﬂ’b,’y)(QR/v—l) ~ Nmax—1 _Ef(vanrrlaX7’Y)(2R/v_1)
terms of n, it follows that ) ™4 g,e” 7 D i T M S S )

Therefore, (2.109) simplifies to

R?})I(&) A sup {R . e_%f(v,nmaxy’7)<2R/U_1> >1— < } s (2110)

qnmax
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Figure 2.6: Sketch of R(Flﬁ(o.l) (bits/transmission slot) in a network with (q1,¢2) = (0.5,0.5),

v = —10dB and u = 10.

which gives
~In (1— £ )
(3) dnmax
Ruiq(e) =vlog | 1 —
Fi(©) vf (0, Tmax; )

72*5(v,nmax) In <1 _ qna )

= Ulog 1 - Nnmax—1
v (1 + nmz};(_]-/y)l_(l_a)
=)

v nmax —1
) In (1 —

u

(2.111)

dn max

—

é) vlog <1 - va(l

v nmax—1
9=, mmax) [y 1\ (17%) -1
(" a > (2.112)
v

where
A
Ky =
v
and (a) follows from the assumption that 7 lies in the high SNR range. It is observed that the

maximization of the above expression with respect to v is equivalent to the maximization of the
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Figure 2.7: Sketch of R%%(O.Q) (bits/transmission slot) at different SNR levels in a network with
Nmax = 2, (q1,¢2) = (0.5,0.5) and u = 10.

term v (1 — %)n“‘a"_l with respect to v, as SNR tends to infinity. This yields

u:{ 4 w (2.113)

Nmax

Figure 2.7 shows the curves of Rg& (0.2) versus v for different values of SNR in a system with

parameters Nmax = 2, (¢1,¢2) = (0.5,0.5) and v = 10. In general, for a sufficiently large, however

finite, value of SNR, one can obtain the optimum value for v as

_ T (1
v = arg 121\%}2 {vlog (1 KyY In(1 — . (2.114)

For example, it is easy to verify that in a system with the above parameters at v = 40dB, one gets
v = 4, while [#MJ = [%] = 5. This is in agreement with the plot of RS&(OQ) given in fig. 2.7
for v = 40dB.

2.6.4 Comparison with other Schemes

In this section, we compare the performance of the proposed FH scenario with that of the FD

scheme in terms of the e-outage capacity. In the FD scheme, the spectrum is primarily divided
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Into nges = min{nyax, v} bands and each active user only occupies one band. If np.x < w and
all the npyax users are active all the time, i.e., ¢, = 1, this scheme results in the most efficient
usage of the bandwidth. This makes the FD scenario superior to other schemes proposed in the
literature, especially in the high SNR regime. However, in a practical situation, the number of
concurrently active users is smaller than nges with a nonzero probability. This makes FD highly
inefficient on the heels that a considerable portion of the sub-bands is unused. In addition to FD,
we also study the e-outage capacity of the FBS scenario, which is a special case of FH. In fact,
FD and FBS can be considered as two extreme spectrum management schemes where the former
avoids any interference among the users, while the latter makes all users share the same spectrum

all the time. In the sequel, we compute Rpp(¢) and Rppg(e).

Computation of Rpp(e)

In the FD scenario, the spectrum is already divided into nges non-overlaping bands each containing

—%_ sub-bands. Each user that becomes active occupies one of the units. As there is no interference

Ndes
among users, the outage event for the i*" user can be written as
U Nes| i i|?
Oirp(R) = {h” : log <1 - des|m> < R} : (2.115)
Ndes u

As h;; is a complex Gaussian random variable with variance % per dimension, |hi’7;]2 is an expo-

nential random variable with parameter 1. Thus,

n, R
1-27%7)1
Pr{O;rp(R)} =1 —exp <U(nd)7> ) (2.116)

and

Rpp(e) = sup{R:Pr{O;rp(R)} <e}

1—2"%%) 1
= supq R:exp u— >E
Ndes v

-
= Y og (1—W>. (2.117)
u

Ndes

Computation of Rppg(e)

Using (2.83), the following Proposition yields Rpps().

Proposition 4.
u <172%) NMmax _ (n-1R 3
Rpps(e) =sup R:e” Z g2~ w  >E . (2.118)
n=1

Proof. The proof follows from similar steps along the lines of the proof for Proposition 2. O
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Comparison of Rpp(e), Rrp(¢), and Rpps(e) in The Asymptotically Small ¢ Regime

Noting that Ing =~ —¢, we get log (1 - "dCWIHE) A DdesTE - Therefore,

u uln2 °

Ye
RFD (E) ~ m,

which is the maximum achievable e-outage capacity in the underlying network for small values of

. As for FBS, using (2.118) and noting that % < 1, we get
2

14 B8y ) o

(2.119)

Rpps(e) ~ ( (2.120)

Comparing (2.101) and (2.120) reveals that Rg%(a) is larger than Rpps(e) in the low € regime as
far as (2.102) is satisfied. Furthermore, in the case that E{N} <« %, the above equation implies
that the FBS scheme, and consequently the FH scenario, achieves the optimal performance of the
FD scheme.

Comparison of Rpy(¢), Rrp(e), and Rpps(e) in The Asymptotically Small v Regime

Using (2.117) and (2.118), it can be realized that for the asymptotically small ~,
Ryp(e) = Rrps(e) = —vlogé, (2.121)

which is the same value obtained in the previous section for Rpp(e) (by setting v = u) and is the
maximum achievable outage capacity in the network. Therefore, in this regime, spectrum division
and spectrum sharing both achieve the optimal performance. Furthermore, the Gaussian lower
bound given in (2.84) implies that the FH scheme is optimal in the low SNR regime, regardless of
v. However, if we use the proposed lower bounds (e.g., R;‘?I (€)), due to the presence of the term

29(:m) in the expression of such lower bounds, taking v < u does not yield this conclusion.

Comparison of Rpy(e), Rpp(e), and Rpps(e) in The Asymptotically High v Regime

From (2.117),

Rpp(e) = Y logy + 2 log <— fdes 1) ?)
Ndes Ndes U
u

Q

log 7, (2.122)
Ndes

as 7 — 00. Also, (2.118) indicates that Rpps(e) saturates as 7 tends to infinity and as such, FBS

is highly inefficient in this regime. In fact,

T'max (n—
lim Rpps(e) = sup {R : Z qn2~ s 5} . (2.123)
e n=1
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To show the supremacy of FH over FD, we consider a practical scenario with u = nay sub-
bands. Each user can be active with some probability p independently of other users. It is assumed
that npmax > 1 and p < 1 such that A £ PNmax 1S a constant. Let us assume that the i user
is active. The number of users, other than the i*" user, which are simultaneously active together
with the i*" user is a Binomial random variable with parameters (Nmax — 1,p). This random
variable, denoted by N, can be well approximated!! by a Poisson random variable with parameter
(Nmax — L)p = A

For some n > 1 where u is divisible by 7, the outage probability in the FH system can be

written as

Pr{O;ru(R)} = Pr{O;ru(R)|N <n}Pr{N <n}

+Pr{O;ru(R)|N > n} Pr{N > n}
PHOL (RN < 1) + Pr(N > )
Pr{O;ru(R)|N = n} +Pr{N > n}.

IN

IN

(2.124)

The last line follows from the fact that for a fixed R the outage probability is an increasing function

of the number of active users. Choosing v = ¥ in (2.111) and selecting the transmission rate as

~ f—1
R="Zlog (1 —kay (70" (1 E))
n n

2
(2.125)
A o ()5 (a(a-1) (1-3)" '
results in Pr{O; ru(R)|N = n} < § where ku = — ( - ) . Furthermore, we
select n such that
Pr{N >} < % (2.126)
Noting that
Pr{N >#d} = Pr{N >n}
X _—Ayn
e A
~ Z T (2.127)
n=n
it is shown in appendix F that for small enough ¢, selecting 7 = —AIn e guarantees Pr{N > n} < 5.

'We note that N = N — 1.
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Hence, using (2.125),

(@) .
RFH(E) > R
n—1
> g log (—/@u'y(l_}z) In (1 — 8))
N Z 2
1 n—1
= g <1 - A> log
n n
—1—3 log (—/-ig In (1 — E))
7 Z 2
1\ "1
~ g (1 - A) logy
n n
@ 1 2.128
> o8 (2.128)

as y — oo. In (2.128), (a) follows by the fact that setting the transmission rate at R, we get
Pr{O; pu(R)} < e. This can be easily seen by (2.124) for the particular choice of # = —AIne. Also,
(b) holds since (1 — %)ﬁfl is greater or equal to 1.

By (2.122) and setting nges = u,

Rpp(e) =~ log~. (2.129)

The above equations imply that as long as u > —eAlne, FH is superior to FD. This condition can

1

be alternatively written as p < —_j—.

2.6.5 Numerical Results

We consider a practical scenario where each user operates in two different environments with distinct
distributions on the number of active users. To describe the distribution of IV, let B; and B be
two independent Binomial random variables with parameters (n1, p1) and (ng, p2), respectively. For

some pgy € (0,1), we set

¢ = poPr{Bi=n|B; > 1}+pyPr{Bz =n|By > 1}
ni 7 ni—mn n2 7 ng—mn
pr(l—p)™ _ p5 (1 —p2)™
= po(n) ! . +p0(n) 2 - (2.130)
1—(1—=p)™ 1—(1—pg)

where 1 < n < max{nj,n2}. In fact, the number of active users is a Binomial random variable with

parameters (ny,p;) for a fraction py of the time and a Binomial random variable with parameters
(ng,p2) for the rest of the time. We have made the assumption that there is always at least one

active user in the network.

52



11 T T

L
10 -=4--FH L
s
-=4--FD I
’
9+ ==©--= FBS e A4
— ,’ 'a’
kel r" —”’
2 B8 Rt |
o P RS
19} Pld -
9 e "f
% 7 R4 ’I’ _
= ’I ‘f
g P
= Plaitie
2 6L 1:!‘ |
2 ’4
2 s
3 sk " J
g _22* Probability of Outage < 0.05
o el
@ g
2 4r Pl - |
5 Pragr
@] P
” ”
3+ ”,ﬂ "a B
«/,— ______________ G =mmmm == ——— @ —-m-m——mmmm - -0
s Ly o= i
or==""
1 | 1 | | | | 1 | |
20 22 24 26 28 30 32 34 36 38 40
SNR (dB)

Figure 2.8: Comparison of FH, FD and FBS in terms of outage capacity (bits/transmission slot)
for u = nmax = 10 and {g, };,3* given in (2.130). The probability of outage is not allowed to exceed
0.05.

Let us set ny = 3, ng = 10, p; = 0.1, p2 = 0.2 and py = 0.8. Therefore, nyax = max{ni,na} =
10. We assume there are u = 10 frequency sub-bands. Figure 2.8 depicts max, R?&(a), Ryp(e)
and Rppg(e) in terms of SNR for € = 0.05. It is seen that for v > 29dB the FH scenario offers a
better outage capacity compared to the FD scheme. It is also observed that the FBS scheme offers

a poor performance compared to both FD and FH.
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Chapter 3

Randomized Signature-Based

Transmission

3.1 System Model and The Signaling Scheme

We consider a decentralized wireless communication network of N separate transmitter-receiver
pairs. The static and non frequency-selective gain of the channel from the " transmitter to the
j*™ receiver is shown by hi;j € C. There is no central controller to assign the resources to the
users. Moreover, users do not explicitly cooperate and they are unaware of each other’s code-
books. Hence, multiuser detection is not possible, i.e., users treat interference as noise. Due to
the fact that the network has no fixed infrastructure, resource allocation and rate assignment must
be performed locally at every transmitter-receiver pair. To realize this, we propose a distributed
signaling scheme motivated by the randomly spread CDMA systems.

Fixing 1 <i < N and for T € N and R;, R, > 0, a code-book of rate R; + R, for the i user

2lTEi| gignal codewords and a collection of

olTE] signature codewords. Each signal codeword is a sequence (a:i[t])tT:_ol of i.i.d. Gaussian signals

consists of two groups of codewords, i.e., a collection of

with zero mean and variance P. Each signature codeword is a sequence (;[t])i_;" of i.i.d. vectors
with length K called the signature vectors. The elements of each signature vector are generated
independently over an underlying alphabet .4 according to a globally known PMF (g,)eea where
o is the probability that an element in a signature vector is equal to a € A. For technical reasons,

we let
qgo=¢ (3.1)

and
da = €pa ;a € A\{0} (3.2)
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where € € (0,1] and p, > 0 for any a € A\{0} such that > 4\ (0} Pa = 1.

The it? user has 2!TF:il+TR;] messages where each message is uniquely represented by a pair
of integers (message splitting) in the set {1,2,--- ,2LTRU} X {1, 2, 2lTR] } For any message
(W;, W’), the corresponding signal and signature codewords are selected and the sequence of vectors
(z;[t)3i[t]) = is transmitted. We assume the channel from each transmitter to each receiver is a
slotted channel. Moreover, the slots on different channels perfectly overlap, i.e., they start and end
at the same time instants. This implies that all users are slot-synchronized. For each 0 <t < T —1,
the M user transmits x;[¢]8;[t] in K consecutive transmission slots, referred to as a signature
interval. Denoting the received vector at the receiver side of the i*® user during a typical signature

interval by gy, and dropping the index t for simplicity of notation, we have

ﬁi = Oéhiﬂ;wigi + Z ahj7imj§j + Z; (3.3)
J#
where Z; is a CN (6K, Ix) random vector representing the ambient noise. The expression for y;
in (3.3) implies that in addition to being slot-synchronized, we require the users to be signature-
synchronized, i.e., the signatur intervals of all users coincide. The parameter « is a normalization
factor that ensures the average transmitted power per transmission slot of the i*" user is 7, i.e.,
2 K g

A = ——— 57 -
E{|s?} P

(3.4)

Since the elements of Z; have unit variance, the parameter  is considered as the measure of
SNR.
The interference vector in a signature interval at the receiver side of the i*! user is denoted by

W;, Le., W; =), ,; ahj;x;8;. One can state @; as

¢
w; = aS;E; (301 Lol Tip1 - mN) (3.5)
where
S,-é<§1 coo 81 Sig1 e §N> (3.6)
and
= & diag(hi, s hic1g Ristis o s hv)- (3.7)

Using joint typicality decoding at the receiver side of the i*! user, any data rate R;+ R < ,@l(ﬁl)

is achievable in the conventional sense where!

iy 2 (0BT (3.8)

!Note that, in general, the pair (R;, R}) must lie in a multiple access channel rate region defined by R; < W,

(849 ;|zq (x589
R; < Wbl ang B, + R} < H2efids),
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and El = (hl,i o h N,i)t is a vector that contains the channel gains related to the i*! user.

We conclude this section by mentioning that the i*® receiver is assumed to be able to estimate
(without error) the channel gains {hm}év:l and the number of active users N and transmit these
data to its corresponding transmitter through a feedback link. In [78], using a combined technique
based on the method of moments and maximum likelihood estimation [83, 84], we demonstrate how

each user can perform this task in practice.

3.2 A Lower Bound on I(z;, §;; ;)
One can write I(x;, §;; Y;) as
L(i, 8i:9;) = 1(8i; §;) + L(wi; 43/ 85). (3.9)

. - 1(3;:5.
The i*" user can successfully decode 5; as far as R, < %

I(xi;9;]8:)
K .

. Thereafter, using its knowledge of
i, this user decodes x; successfully if R; <
Due to the fact that the signature codeword of any user is not known to the other users, the
noise plus interference at any receiver has a mixed Gaussian PDF. As a result, the terms I(8;; 4;)
and I(x;; ¥;|8;) do not have closed expressions. The term I(S;; 9;) is bounded from above by H(§;)
which is not a function of SNR. Therefore, I(x;; y;|S;) and I(x;, §;;y,) have similar SNR scalings,
le.,
Ui, 8 9) ~ Uwi; §13)- (3.10)
Motivated by (3.10), we ignore the term I(8;; g;) in this work and focus our attention on I(x;; g;|S;).
We are able to develop a lower bound on I(x;; 4;|S;) that is tight in the sense that:

1- It achieves the same SNR scaling as that of I(x;; y;|S;).

2- Its behavior in terms of the design parameters mimics that of I(x;; y;|S;).

As such, system design is performed only based on the term I(x;; 4;|8;).

To develop a lower bound on I(x;; ¥,|S;), our major tools are linear processing of the channel
output based on writing the SVD for the signature §;, a conditional entropy power inequality and
a key upper bound on the differential entropy of a mixed Gaussian random vector.

We have

(2 9;]8:) = > Pr{8; = §}{(x;; §;|8; = 5) (3.11)
gesupp(3:)\{0x }

In the following, we find a lower bound on I(x;; §;|8; = &) for any § € supp(5;)\{0x }.

Step 1- The matrix 55T has two eigenvalues, namely, 0 and ||5']|2. The eigenvector corresponding

to ||5]|? is & and the eigenvectors corresponding to 0 are K — 1 orthonormal vectors denoted by
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= s

g1, , gi—1 which together with make an orthonormal basis for RX. Let us define

Gi(3) = (7;,1 gz’,K—l) ; (3.12)

Ui(5) 2 <||si|| Gi(é’)) (3.13)
and .
a2 (151 %) - (3.14)
Writing the SVD for 3,
§=U;(3)d(3). (3.15)

The i receiver constructs the vector UJ(§' )Y;(5) where y,(5) has the same expression as ¥; in

which §; is replaced by &, i.e.,

gjl(s*) = Ozhm‘wig-l- Z Oéhj,i.’l}jgj + Z;. (316)
J#i
We have
Ul (3)5:(3) = ahi@id(3) + Ul (3) (@; + Z) . (3.17)
Define
IR . ast (ITJZ + Z;
o [Uj(s) (w; + zi)]l = HgH), (3.18)
wi 2 [Ul(3)5:(5)] | = ahiilFlei + ¢ (3.19)
and
5 o [itava ™ — at(2) (a4 2
9 = | Ui (5)9i(5) |, = Gi(8) (Wi + Z)
(3.20)
We have the following thread of equalities,
s Gilsi=5) 2 1(2:U])5.5))
= I(zi;wi, V)
= I(.’Bl‘; 61) + I(.’BZ‘; wz\ﬁz)
O 12 w,)8) (3.21)

where (a) holds since U;(§) is a unitary matrix and (b) is by the fact that @; and 9J; are independent,
ie., I(xi; ;) = 0.
Step 2- We need the following Lemma which is a conditional entropy power inequality [70] in

the complex setup.
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Lemma 5. Let z; and z3 be complex random variables and zz be any random quantity (scalar or
vector) with densities. Also, assume that the conditional densities py,|,,(.|.) and pa,),,(.|.) exist. If

z1 and zo are conditionally independent given z3, then

2h(zl+22|23) > 2h(zl\23) + 2h(22|13)' (322)

Proof. A straightforward application of the non-conditional entropy power inequality leads to

(3.22). The proof is omitted here. O
We have

h(w;|9;) — h(w|z;, 9;)
= h(wz|1§z) —h (ozhz,ZHE’Hmz + ‘Pi|$i7 5@)

—

a

= h(wi|1§i) - h(90i|1§i) (3.23)

N

-

where (a) is by independence of @; and (¢;, ;). On the other hand, we know that w; = ah; ;||5||z;+
@;. Defining z; £ ah; ;|5 ||x; and z2 £ ¢;, it is clear that z; and z are conditionally independent

given z3 £ 9;. As the conditional densities Pa21j25(+|-) and p,|z, (.].) exist, by Lemma 5,

—

(@) 2h(ahi,i”§”wi) + oh(;|D:) (3.24)
where (a) is by the fact that the x; is independent of 9;. Dividing both sides of (3.24) by 2h(""i|;’i),
b (wifd:) ~ 1 (ild) > lo (2<h(ahi’i”§”mi)h("’“?i)) + 1) '
(3.25)
By (3.21), (3.23) and (3.25),
e (b (ahiillsllz:) ~h(e,18:))
(x;;y;|8i =35) > log | 2 +1). (3.26)
Step 3- We need the following Lemma to proceed.

Lemma 6. Let Z be at X 1 complex and circularly symmetric mized Gaussian random vector with
PDF

L
(2) = il _#o1z
pz(Z) = ; ety exp ( 7'Q), z) (3.27)
where a; > 0 for 1 <1 < L and Zle a; = 1. Then,
L L
Z arlog ((me)’ det ) < h(Z) < Z arlog ((me)' det Q) + H((a)E ) (3.28)
=1 =1
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Proof. Let us define the random matrix Q@ € {Q; : 1 < < L} such that Pr{2 = ;} = q; and
let X be a CA (04, I;) random vector. Then, one can easily see that Z = v/QX in which v/ is the
conventional square root of a positive semi-definite matrix. Using the inequalities
h(Z]©2) <h(Z) < h(Z,9Q)
= h(Z|Q) + H(Q)
= h(Z|Q) + H((a)iy) (3.29)
and noting that h(Z]Q) = Zlel arlog ((me)* det ), the result is immediate. O

By (3.5), the interference vector w; has a mixed Gaussian distribution where the covariance ma-

—_—
A

trices of its Gaussian components correspond to different realizations of the matrix aQPSzHi_ZT.S}L.

This together with Lemma 6 yields
h(@; + Z;) < h(w; + Z|S;) + H (SiEiEZSD (3.30)
where we have used the fact that H (oﬂPSiEiEISI) =H (SZEZEISI) One has

h(pid:) = h(p;,d:) —h(D)
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INS
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+
K
)

z)1S:) (3.31)

where (a) follows by noting that the matrix U;(§') is unitary, i.e., log|det(U;(5))| = 0, (b) follows
from (3.30) and (c) is a direct consequence of Lemma 6. On the other hand, for any realization of

S;, the vector w; + Z; turns into a complex Gaussian vector. Hence,

h (w; + Z;|S;) = K log(me) + Z Pr{S; = S}logdet (IK + azPSEZEIST) . (3.32)
Sesupp(S;)

By the same token,
h (Gi(g) (w; + Z;) ‘Sz’) = (K —1)log(me)

+ Y Pr{S;=S}logdet (IK,l +a2PGl(3)55;51 5t G}(s?)) . (3.33)
Sesupp(S;)
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Using (3.32) and (3.33) in (3.31),
h(ep;|9;) < log(me) + H (SZEZ-EISZT)
+ Y Pr{Si=S}logdet (IK +a2PS=Elst )
Sesupp(S;)
_ L 2pat(ays=.=tetai(s
> Pr{S;=S}logdet (Ix_1 + o*PGI(5)SEE]S'GI(F)) . (3.34)
Sesupp(S;)
Moreover, h(ah; ;|5 ;) = log (rea?|h;;|?||5||*P). Hence, h(ah;;||5]|x;) —h (¢1|51> appearing in
(3.26) can be bounded from below as
h(ahii |5 @) — b (l8:) = log (a2 2I57P) — H (S,2,2]8])
~ Y Pr{S; = S}logdet (IK +a2PSE;El st )
Sesupp(S;)

+ Y Pr{Si=S}logdet (IK_l + azPGI(§)SEiEISTGZ(§)> . (3.35)
Sesupp(S;)

Substituting (3.35) in (3.26),
_ = =t gt
(i 5,15 = 7) > log (2 H(s2Es]) o (pis,z) + 1) (3.36)
where

Pr{S;=S
det (IK_1 + a2PGI(§)SEiEISTGI(§)> (=5

0i(P; 3, hi) £ a?|hii)?|5)2 P (3.37)
SGSE(SZ') det (IK -+ OZQPSEZEIST>
Finally, we get a lower bound on %Z(ﬁz) given by
(b), 7\ a 1 L -H(s.z:E]s]) I
% (hi) & 2 > Pr{3; = 5} log ( 2 21) 0(P; 5, hy) + 1) . (3.38)
sesupp(3:)\{0x }

3.3 Analysis of Sum Multiplexing Gain

An important observation is the SNR scaling of %Z.(lb)(ﬁi) that is presented in the following Propo-

sition:

Proposition 5. Regulating its transmission rate at %i(lb)(f_ii), the i*™ user achieves an SNR scaling
of

b, 7 R
lim %Z( )(hi) _ Pr{s; ¢ csp(S;)}
v—oo  log~y K ’

(3.39)
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Proof. See appendix G. O

Finally, the following Corollary proves that %i(lb)(i_ii) achieves the SNR scaling of %l(ﬁ,)

—

Corollary 2. %i(lb)(hi) L i (hs).
Proof. See Appendix H. O

Since all users utilize the same PMF to construct their signature vectors, the achievable SMG

can be written as . L . .
N Pr{8 ¢ csp([82|85] - [n-1]8N])}
i .

Computing Pr{s; ¢ csp ([S2|S3|---|Sn—1|Sn])} is a tedious task for N > 3. Using the so-called

SMGy =

(3.40)

Maréenko-Pastur law? in random matrix theory [81], it is easily seen that §; ¢ csp ([82|33] - - - |Sv_1/8n])
holds almost surely in the asymptotic case where K = N — oo. As such, a sum multiplexing gain
of 1 is achievable if the number of active users is large. In this work, our focus is on a finite number
of users. To get a rough idea about the behavior of SMGy, we present some examples.
Ezxample 1- Effects of The Underlying Alphabet A on SMG y .
In this example, we compare four different types of signature vectors by computing the achiev-
able SMG via Monte-Carlo simulations. The following cases are considered:
- A={-1,1},¢g1=q =3, K=N.
2 A= {01} o =q1 = 4, K = N.
3A={-1,0,1},¢1=@=qa=3% K=N
4+ A={0,1}, g0 =aq = 3,
The elements of the signature vectors are generated uniformly over the underlying alphabet in

=
I

=
I

all the schemes. This is not the best one can do as we will see in example 2. The achieved SMG
for each scheme is sketched in fig. 3.1. We are able to make the following observations:

e SMGy is an increasing function of N as far as K = N. Moreover, it approaches 1 as N
increases. This is in agreement with the Marcenko-Pastur law.

e Increasing the size of the underlying alphabet A leads to a larger SMG.

e The alphabet {0, 1} yields a slightly better SMG compared to the alphabet of the same size
{-1,1}.

Let us investigate the case A = {0,1} and K = 1 in more detail. For each 1 < i < N,

2A central result in random matrix theory states that when the entries of a random matrix A of size n x n are

i.i.d., then %nm) — 1 as n — co. A more general statement of this result is the so-called Marcenko-Pastur law.

61



1 I \ Cedee e T L
/’.---- P peemmTiizes ot
-, : ——
,¢’ ;,r‘-
/’ ;’
09 i3 : P -
-7 Pl
”, R :
i -,
Fie -
/f p',
081 P Pradin i
—_ ’ - :
= 4 -~
8 // -
”
) ’ i ==+-- Alphabet={-1,1}, K=N
£ o7 .’ Pt ]
5 Y g Alphabet={0,1}, K=N
= Plg
= e === Alphabet={-1,0,1}, K=N
= ol
£ 06 i =G =+ Alphabet={0,1}, K=1 e
3 ’
@ ’/ :
= ,/
g ’
= o.sd\ .
N
s~~
o
04 b §
e - UL T T LT [ T P =
i | i i i i | i
2 4 6 8 10 12 14 16 18 20

N (Number of Users)

Figure 3.1: Effects of the choice of the underlying alphabet A on SMG.

s; = s; € {0,1} is simply a Ber(e) random variable. Hence,

Pr{s; ¢ csp([S2|S3|---|Sn-1]8N])} = Pr{sl ¢ span({82,83,-~ ,sN,l,sN})}
= 5Pr{0¢span({32,33,~-- ,sN,l,sN})}
+EPr{1 ¢ span({52,33,~- ,sN_l,sN})}
= gPr{lgéspan({sz,s;),,-'- ,sN_l,sN})}
= ZPr{sy=s83=---=sny_1 =58y =0}

gelV ! (3.41)

—~
=

where (a) is by the fact that Pr {0 ¢ span({s2, ss, -+ ,sny—1,85})} = 0 and (b) is by the fact that
1¢ Span({SQ,s;g, cer  SN_1, sN}) if and only if s; = 0 for 2 < i < N. Maximizing eV ! over ¢, a
sum multiplexing gain of (1 — %)N_l is achieved for e =1 — % This is sketched in fig. 3.1 as the
only decreasing curve. As N increases, SMGy settles on % 0

Ezxample 2- The Elements of The Signatures Are Not Necessarily Equiprobable Over A.
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Let us fix A ={-1,0,1} and N = 2. For i = 1,2, the elements of §; are i.i.d. random variables
taking the values 0, 1 and —1 with probabilities €, €p; and gp_; respectively. We have

Pr{s) ¢ csp([S2])} = 1—Pr{s) € csp([s2])}
= 1- PI‘{gl == GK} - Pl"{§1 75 6K,§1 == :|:§2}
= 1—ef —Pr{8 #0k,5, = &} —Pr{5) #0k,51 = —5}. (3.42)

However,
R 2
Pr{8) # 0k, = 5} = > (=3}
gesupp(81)\{0k }
K-1K-k
K\ (K —k b
= 2.2 ( k) ( , )es?k(epl)?l(epnw k)
k=0 (=0
_ K
= (2+220% +p%,))" - (3.43)
Similarly,
Pr{8) # Ok, 81 = 5o} = (2 + 282pip 1)~ — 2K, (3.44)
Therefore,

2Pr{8; ¢ csp([s2])}
K

2
= = (1 — el 422K — (2 + 22(p? +p2_1))K —(+ 2§2p1p,1)K) . (3.45)

SMGy =

This expression is maximized at p; =p_; = % for any € and K. Thus,

o\ K
2(1—5K+252K—2(s2+§) )
sup SMGy =

p1,P-1 K

(3.46)

Finally, the expression in the right side of (3.46) is maximized for K = 2 and ¢ = 0.756 where a
sum multiplexing gain of 0.7091 is achieved. Although one expects that ¢ = % is the best choice, it
is not the case. The SMG is 0.6914 for ¢ = % which is slightly less than 0.7091. O

T

Remark 1- For any matrix A, let be the nonzero eigenvalues of the matrix AAF.

Writing the eigenvalue decomposition [85] for IK_l—I—aQPGlT (8) EiEZT-STGZT () and IK—I—OPPSEiEIST
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—

appearing in the expression of o;(P; 3, h;) in (3.37), we get

rank(G Pr{Si=5}
B II,-, <1 + a2P/\ )55, >
0(Pis ) = o 5PP ] : M.
Sesupp(S;) ran ) ( 2PA(5£”>
rank(G] (7)) 24 () Prisi=s;
T e e < e ”SEi)
= o |hil7[|5 )" P I1 Pr{S;=5}
Sesupp(S:) S (B + a2 )
(3.47)
where
pi(s) = 1— > Pr{S;=S}rank(G[(5)S)— > Pr{S; = S}rank(s)
Sesupp(S;) Sesupp(S;)
= 1-E {rank(G;r(E’)Si)} — E {rank(S;)} . (3.48)

On the other hand, using (3.38),

(1b) 7 1 2 _ o -H(s:=:ElS]) poe
B (hi) > o > ) Pr{3; = 5} log <2 ( >91(P,s,hz)>
sesupp(8;)\{0x }
Pr{é’l #6}(}1‘1( Z:Z:TST>
I .

1 L -
= % Z ] Pr{s; = §}log 0i(P; &, hi) —
sesupp(8;)\{0k }
(3.49)
Combining (3.47) and (3.49),
%™ (h;) > MG log v — IEF + CSF, (3.50)

where the three terms appearing in the right side of (3.50) are the Multiplezing Gain defined by
a1 L
MG & > ) Pr{5; = 5} u;(5), (3.51)
sesupp(8;)\{0k }
the Interference Entropy Factor defined by

Pr{g; # 0x )1 ( Z-_,»JST)
K

IEF = (3.52)
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and the Channel-Signature Factor defined by

1
CSF; £ = > Pr{; = 5} log (a?|h:[*[5]%)

sesupp(8;)\ {0k }
Pr{S;=S}
T nk(GI(g)S) l
. 12 <113 + QQA(G)T(S;‘) E)
+§ Z PI‘{SZ' - S} Z log rank(S) [ 1 ) Pr{Si=5}
§€supp(§i)\{6K} Sesupp(Si) Hl:l <F T QQASEZ')
(3.53)

By (3.48), (3.51) and the identity (5.58) appearing in the proof of Proposition 5 in appendix

G, it is seen that

Pr{s; ¢ csp(S;)}
K

which is in agreement with the result of Proposition 5.

MG = (3.54)

In general, MG does not depend on the user index. Moreover, assuming the channel gains are
realizations of i.i.d. and continuous random variables, the discrete entropy H (SZEZEISD is not a

function of the user index. In fact, a simple argument shows that
H(sizelsl) = v - (s3]). (3.55)

The interplay between MG, IEF and CSF; determines the behavior of the achievable rate. As
we will see in the next section, a larger MG is achieved at the cost of a larger IEF. This can be
in particular understood if we study the effect of the underlying alphabet A on these two factors.
If A increases, IEF becomes larger as the randomness of the signature vectors rises. At the same
time, the chance for the signature vector of a user to be spanned by signature vectors of other
users drops implying a larger MG as shown in fig. 3.1. By (3.50), a larger IEF reduces the rate
and a larger MG increases the rate. Due to the fact that MG identifies the scaling of rate with
log P, these opposing effects identify a tradeoff between the achievable rates in moderate and high
SNR regimes. Note that 2™

7

offered in section 3.4) verify that the same tradeoff holds for %;(h;), i.e., %}lb)(ﬁi) is tight enough

to mimic the behavior of %;(h;). O

In the next two subsection we address the following two questions, respectively:

(hs) is only a lower bound to Z;(h;). Monte-Carlo simulations (to be

1- Let all users have access to a globally known signature-book C and each user selects a
signature in C uniformly and independently from signature interval to signature interval. What is
the ultimate SMG in this scenario and how can one design C to achieve this SMG?

2- Let all users utilize matched filters at their receiver side as a low-complexity detection tech-
nique. What is the effect of matched filtering on SMG?

65



3.3.1 A Modified Approach To Generate The Signatures

The expression for SMGy given in (3.40) is valid for other classes of randomized algorithms in
generating the signature vectors. One can consider a general scheme where the i*" user generates
its signature vector §; by randomly selecting a vector in a globally known set of L signatures
Cy = {¢,---,c} € RE. For example, generating the signature vectors over some alphabet
A = {—1,+1} is equivalent to setting L = 25 and Cyx = AK

We determine the largest achievable SMG in a network of NV users under the following assump-
tions:

1- All users have access to a globally known signature-book C;, C R¥ containing L nonzero and
non-parallel vectors.

2- The signature vectors are selected with equal probability in Cy,.

For each 1 < < Land 1 < m < L — 1, let us denote by r;,, the number of distinct
subsets B of Cr such that |B] = m and ¢ ¢ span(B). We denote these subsets explicitly by
BY .. BT Then,

l,m> lym
1 L
Pr{s1 ¢ csp ([82/83] - |Sn-1lSn])} = > Pr{c ¢ csp([5a]8s] - [Sn-1|5n])} (3.56)
=1

where for each 1 <[ < L,

L—17"im
Pr{c ¢ osp (8218 [Sn-alsn))} = D0 D Pr{{Sa - avondnk =B} (357)
m=1r=1
It is easy to see that3
Pr{{s Sn_1, 8y} = B} = O 3.58
r {827.” 78N—178N} - l,m - LN_l ( . )

where

PN = > (N_l)' (3.59)

ni+-4nm=N-—1
Ny, ,Mm>1

forany 1 <I<L,1<m<L—-1and1<7r<r;,. By (3.56), (3.57) and (3.58),

L-1
- o= S = 1
Pr {81 ¢ csp ([l + [S 158D = 250 30 D rimdwm (3.60)
=1 m=1
Therefore,
L L—-1
SMGN _ NZ[:l Zm:l 7,l,TrL(z)]V,’rn (3 61)
KLN
3 Assuming the 1%, .-+, (m — 1)** and m'™ elements of Bl(rr)n are chosen by n1, -+ ,nm—1 and n,, users respectively
(each user selects one signature), this can happen in > n, +..c4n,=N—1 H(IIanl>!, different ways.
ni,,mm>1 S
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There is no closed expression for ¢y ,,. However, one can use the recursion

m—1
mel = ¢N,m + ; <:’;L> ¢N,m7v (362)

to compute this quantity*. The following Proposition shows that SMGy given in (3.61) can be

made arbitrarily close to 1 for any finite N.

Proposition 6. For any number of users N and any integer L > N, there exists a signature-book
Cr, C RYN of size L such that

1 N-1
SMGy = (1 - L) . (3.63)

Moreover, this is the highest sum multiplezing gain one can achieve in a decentralized network with
N users where each user selects its signatures uniformly in a globally known signature-book of size
L.

Proof. Noting that ¢, = 0 for m > N, we can write

N Zlel Z%;% Tl,m(bN,m

SMGy = =l

(3.64)

It is seen that SMGy is maximized if r; ,, is as large as possible for each 1 </ < L and 1 <m <
N — 1. The quantity 7;,, can not be larger than (Lgll). For the moment, let us assume that there
exists a signature-book C;, C RX such that any N elements of C;, are linearly independent. We
will soon provide the constructive proof for the existence of this signature-book. Obviously, one
requires K > N. In this case, r;,, = (erl) forany 1 <! < Land 1 <m < N —1. Hence,

N1 () onm

SMGy = LN (3.65)
To proceed, we need the following Lemma.
Lemma 7.
Nzl (L1>¢Nm= (L—1)NL. (3.66)
= ’

Proof. We offer a combinatorial proof. There are (L — 1)V~ different ways to distribute N — 1
distinct balls in L — 1 distinct boxes. If the balls were similar and we put v; balls in the i*® box,

the number of different ways is the number of non-negative solutions in {vi}f:_ll for the equation

“We omit the proof of (3.62) for brevity.
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(N-1)!
vplvp 1!

v1+---+vp_1 =N —1. Fixing {vi}iL:_ll and recalling that the balls are distinct, one gets

different distributions. Hence,

(L-1N = > Gt (3.67)

vyl
vi+-tvp—1=N-1 ! L=1
v1, 0120

A simple counting argument shows that

N —1)! =2 N —1)!
S N N

vr—1- ViU, —m/—1-
vi++vp_1=N-1 L=l m'=L—N vitdvp o =N-1 1 L=m’—1

V1,0 -12>0 V1,5Vl —1 21
By (3.59), (3.67) and (3.68),
L—2
L—1 _
T ( - )qu,L_m/_l — (-1 (3.69)
m/'=L—N

Replacing the dummy variable m’ by L —m — 1 yields

N-1

L-1
> ( >¢N7m = (L -1V (3.70)
m=1 m
This is the desired result. O
Using (3.66) in (3.65),
N 1\ N1
To get the largest SMG, one may set K = N. Then,
1\ V-1
SMGy = <1 - L> . (3.72)

This can be made arbitrarily close to one by increasing L.
To complete the proof, we must show the existence of the signature-book Cr with the given

properties. Let K = N and by,--- ,br, be L > N distinct and nonzero real numbers. We define
t
CL:{Q:<1 b b2 - bfvfl) :1§Z§L}. (3.73)

Let us take any N elements in Cp, say j,, -+ ,C,_, and Cj,. Assume there are real numbers

ai,- -+ ,any—_1 and ay such that
a8, + - +an_18y_, + ancy, = On. (3.74)
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Figure 3.2: The tradeoff between multiplexing gain per user and interference entropy factor achieved

by the construction in the proof of Proposition 6.

This yields,

1 1 s 1 1
ax
bll blg o blN,1 blN .
bl21 bl22 e bl2N71 bl2N ’ - GN (375)
. . . . . anN-—1
N—-1 ;N-1 N—1 ;N-1 an
bll blz T blN—1 blN

The matrix appearing in (3.75) is a Vandermonde matrix. The determinant of this matrix is
ITi<ic J<N (bli — bl].) which is a nonzero number. This proves that any N elements in Cj are

linearly independent. The proof of Proposition 6 is complete. O

By Proposition 6, SMGy = 1 — § can be achieved in a network of N users for any § > 0. This
is at the expense of an interference entropy factor equal to —(IN — 1)log (1 —(1- 6)ﬁ> The
corresponding tradeoff between multiplexing gain per user and the interference entropy factor is
sketched in fig. 3.2 for several values of N.

Note that this scheme requires all users to select their codes in an appropriately designed and

globally known set of signatures. This might be a restriction in a decentralized network where there
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is no explicit cooperation among users.

3.3.2 Effect of Matched Filtering on SMG

In order to reduce the computational complexity in the decoder, a suboptimal detector such as
single-user Matched Filter (MF) is frequently used in conventional CDMA systems. For a detailed
analysis, we refer the reader to [19]. Next, we investigate how the presence of such a detector affects
the SMG in a decentralized network of users.

The output of the MF at the receiver side of the " user is the inner product of y; and §;. We

have
81g; = ahim, @i+ hignx;+ 512 (3.76)
J#i
where
ni; =818 (3.77)

for 1 < j7 < N. Following the same analysis that led us to (3.40), the achievable SMG denoted by
(MF) . .
SMG), "’ is given by

MF N
SMGS\, ) = EPT {771,1 ¢ Span({m,z, e 7771,N})}
(@ N
= gPr{m,l750,"71,22'“:?71,1\/:0}
N - o

= % Z ) Pr{si=58mn,=-=n,y=0}
sesupp(8;)\{0x }

by N o o o o

© 7 Z ] PY{STSQZ"':STSNZO}PI"{SZ':S}
sesupp(8;)\{0x }

© N w5, — o\ 'puz — 7

2 = (Pr{s g _o}) Pr{3; = 7). (3.78)

sesupp(8;)\{0x }
In 3.78, (a) is due to the fact that n; ; is a scalar for 1 < j < N, (b) holds by independence of
§; and the collection (§}),;x;, and (c) is due to the fact that (5;),; is a collection of i.i.d. random
variables.

As a working example, let A ={—1,1}, p1 = v and p_; = 7. Then,

SMGOI) gi 3 (Pr {§T§2 - o})N*1 Pr{g = 5}

k=0 5k elements of s are +1
N-—1

K
N K\ g & oo ) .
= % 2 (k>y % (Pr {5 Sy = 0, k elements of § are 1}) . (3.79)
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In appendix I, it is shown that

K 2
Pr {§’T§2 = 0, k elements of 5 are 1} = (K)I/I;kngf E { (Z) H} (3.80)
1%

2

where k is a Hypergeometric random variable with PMF

k\ (K—k
Pr{ik =1} = M

3.81
i (3:81)

It can be verified that SMG%/IF) is maximized for K = 2 for all values of v € [0, 1]. In this case,
Pr {§'T§2 = 0,no element of 5 is —1} = 2u7, (3.82)
Pr {§T§2 = 0, both elements of 5 are —1} = 2u7, (3.83)
and
Pr {§'T§2 = 0, only one element of §'is —1} =12+ 7 (3.84)
Therefore,
N
SMG ) = 5 (P + ) @) 2w( + )N (3.85)
Fig. 3.3 sketches SMGg\I;/[F) in terms of v for different values of N. It is seen that:
® SUpP,¢(p,1] SMGgMF) = % which is equal to the SMG of the optimal detector (no matched

filtering). This holds in spite of the fact that g, and §jﬂz are not the same from an information
theoretic point of view, i.e., I(x;; y;|8;) > I(ml,§jg}’l|§l) or equivalently, §;rg_jl is not a sufficient
statistic. However, for N > 3, the SMG of MF is considerably lower than that of the optimal
scenario®.

e The optimum value of v is not equal to 0.5 in general. This happens for any N > 5, while for
N < 4, the optimum value of v is 0.5.
) decreases and settles on 0.182. Selecting v = 0.5

in (3.85) yields an SMG of Jx that tends to 0 as N becomes large.

e As the number of users increases, SMGE?,/IF

3.4 System Design in Finite SNR

An important issue in a decentralized network is to propose a globally known utility function to be
optimized by all users without any cooperation. As mentioned earlier, there is no closed expression

for Z;(h;). However, we have developed a lower bound %i(lb)(hi) on Z;(h;) which is tight enough
to guarantee %flb)(ﬁi) L %;.

SRefer to fig. 3.1 for the SMG of the optimal scheme.

71



0.5 0.35
03 N=4
.% 04} N= .% .
Q O 025}
g 03 2
8" 8 °2
£ =
£ 02 g 015
= =
5 01 >
0 9 005
0 i 1 I i 0
0 0.2 0.4 0.6 0.8 1
pW
0.25
5 02 5
0] @
2 015 £
& 3
£ =
S of 5
= b=
g g
& 005 a
0 i 1 I i
0 0.2 0.4 0.6 0.8 1
pi

Figure 3.3: Plots of SMG%/IF) for different number of users. The signatures are only based on
randomized spreading over {—1,+1}. It is seen that the elements of the signatures are not in

general equiprobable over the underlying alphabet.

Let the channel gains h; ; be realizations of independent CA/(0, 1) random variables h; ; repre-
senting Rayleigh fading. We propose that the i*" user selects K, ¢ and (pa)qc A\{0} (or a subset of

these parameters) based on

(K&, (Ga)acarioy) =arg s B{#M (R} (3.36)
(K»Ev(pﬂ)aEA\{O})

Thereafter, the i'" user regulates the actual transmission rate of its signal code-book at R; =
%(lb)(ﬁi) using the realization h; of h;.

)
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Example 3- Spreading vs. No Spreading: A Win-Win Situation.

Let us consider a network with N = 2 users. We use (3.37) to compute g1 (P; 3, Hl) It is seen
that

1- &1 = ho .

2- Since S = 8, for each ' € supp(S1)\{0x}, we have rank() = 1 and )\ = |ho 2|2

3- For each § € supp(5;) and t € supp(S1), we have rank(G];( i) < 1. Indeed, Gi(s)t eER

and if GT( )t # 0, then Al )( e, = |ho[? |GT( )P
Therefore,
Pr{§2:{}
. 14 a?P|hy,|2|G1(3)F]?
01(P; 5, hy) = o?|hy1*||5]*P 3.87
(P = PSP T | S mp (387)
tesupp(sz)

In this example, we only consider the optimization in (3.86) with respect to e and (pa)ac.a\{o}-
In fact, we assume K is globally known. We consider two different schemes corresponding to two
different values of K, i.e., K = 2 and K = 1, respectively.

Scheme A- Let K =2, A={-1,0,1}, py = v and p_1 = ¥ for some v € (0, 1]. To simplify the
expression for g1 (P; 5, h1) in (3.87), we make the following observations:

1- If § has only one nonzero element,

. 0 t=0y0rt==+5
|GR@H2={ 20t o (3.88)

_
Q

-+
=

2- If every element of § is nonzero,

0 t=0y0rt==+5
IGI P2 ={ 2 it5=0,f+0, (3.89)
: t's#£0
Noting that o® = Z5, we get
1- If 5 has only one nonzero element,
o7 hial*y
01(P; 5, h1) = s | 61 22| p—— (3.90)
ol a2y
(B ()
2-Ifse{(1 1 (-1 —1)t},
2l sy (14 P2
01(P; 5, hy) = : . (3.91)

= (1 n ‘h2g|27>2& (1 n 2|h2é12,y>52(1/2+1/2) .
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h 2 2ze
2|k 1|2y (1 1 Ihealy 2%' 7)

01(P; 3, by S . (3.92)
z (1 i ‘h22|27>268 (1 n 2|h2é12,y>2a2yV
Moreover, it is shown in appendix J that
H (sls ) = 2(e) + B2H (2 +TP). (3.93)

It is not hard to see that setting v = 0.5 maximizes ,%L-(lb)(ﬁi). Hence, we come up with

925 (e)—€> by |2’Y

sup %(lb)( hi) = Eelog |1+ - =
ve(0,1] g (1 4 |h2,gl‘2')’) (1 4 2|h25,1‘2'7>
, _ 2&
=2 21—2%(5)—52%171’27 (1 + \h2é15|27) =
+§ log | 1+ — =
g (1 + ‘h2g|27>2€€ (1 + 2|h2é1\27)7
(3.94)
It is seen that ) .
1 € g
MGp == — = — ()2~ & .
Ga 575 (2e) 1 (3.95)
and _
[EF) = 2 < 52) (3.96)

Scheme B- Let K = 1 and A = {0,1}. Noting that supp(81) = supp(82) = {0,1} and G1(1) =0,

|1l

01(P;1,hy) = _. (3.97)
g (1 + \h2g|27>€
Evidently, H(§1§J{) = J(¢). Therefore,
o )R ]2
2™ (hy) =zlog | 1+ L 1’2' - (3.98)
Also,
MGg = 2e (3.99)
and
IEFg = 5(c). (3.100)
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Figure 3.4: Comparison between sup, ,¢ 1) E {%Fb)(ﬁl)} in the schemes A and B for different

SNR values.

Fig. 3.4 sketches sup, ,¢o1] E {%Elb)(ﬁl)} for both schemes at different SNR values. This figure
also demonstrates the best € chosen by the users. It is seen that there is a tradeoff between the
rates at medium and high SNR values. As discussed in remark 1, this happens as a result of
the interplay between MG and IEF. This observation is based on the formulation for ﬁgb)(ﬁl)
which is only a lower bound on Z;(h1). To show that this tradeoff is an intrinsic behavior of
%1(51) itself, let the channel gains related to user 1 be given by h1 1 = —0.3059 — 1.1777/—1 and
ha1 = 0.0886+0.2034y/—1. Assuming that user 1 utilizes the plots given in fig. 3.4 to regulate ¢, fig.
3.5 sketches #;(hi1) (using Monte-Carlo simulation) for both schemes. It is seen that the tradeoff
between the rate at medium and high SNR regimes is a fundamental property of decentralized

networks.
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Figure 3.5: Plots of %) (h1) (using Monte-Carlo simulation) for schemes A and B. The channel
gains are h11 = —0.3059 — 1.1777\/—1 and hg 1 = 0.0886 + 0.2034/—1.

Ezxample /- A Non-Uniform PMF on The Underlying Alphabet Leads To A Rise in Rate.

In this example, we let A = {—1,1}, p1 = v and p_; = ¥ for some v € (0,1]. This coincides
with the random spreading technique used in CDMA systems [19, 20]. The purpose of this example
is to show that in contrast to example 3 (where N = 2), the optimum value of v is surprisingly not
% in a network with NV = 4 users.

Before proceeding, let us consider a different and common approach to obtain a lower bound
on %1(51). It is well-known that in an additive noise channel with a stationary and ergodic noise
process, as far as the correlation function® of the noise process is fixed and SNR is sufficiently large,
a Gaussian noise process yields the smallest mutual information between the input and output [77].

Using this fact, one can obtain a lower bound on I(x1; 4, |s1) as

det Cov ()

I(m:l,,!_jl‘gl) Z log det COV(’(T]l + 21)

(3.101)

5The correlation function of a zero-mean process x[t] is the function E{x[t1]x'[t2]} for t1,t2 € R.
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It is easy to see that

N
Cov(fy) =Ix +v > |hia|> (1— (2v —1)%) Ix (3.102)
=1
and
N
Cov(wy + Z1) =Ix +v Y hial* (1— (2v —1)?) Ix. (3.103)
=2
Therefore,

I(z1;3:151) i (1 - (2v = 1)%) ) (3.104)

>log |1+
K ( 1+, [hia2(1 = (2v — 1)2)

One can see that this lower bound is maximized for v = % Also, it is not sensitive to the value of
K. Hence,

I(x1; 9|3 hi1)?
sup(”"l’;?'sl)zlog (1+ il }V’” > (3.105)

Let us define

A y|h 2
v = supEdlog |1+ :
¥ { ( 1+72£2hi,2l2>}

1 /
= oo / / N2 1og (1 + Z) e " dhdn/ (3.106)
— 4)- JheR Jh'eR

where we have used the fact that |h1,1|2 is an exponential random variable with parameter 1 and
2 Zf\i o |hia?is a X%( n—1) random variable. We call 7y the Gaussian bounding threshold. It is the
average with respect to channel gains of the bound given in (3.105) as SNR goes to infinity.
We demonstrate that if N = 4, taking K > 1 and v # % makes E {%’gb)(ﬁl)} be considerably
larger than 7 at finite SNR values. This implies that there exists a set of nonzero measure for the
(Ib)

.. - N ylhaal? )
realizations of hy such that #, "’ (h) is larger than log (1 + TS )

In order to calculate ;@ilb)(ﬁl), one needs to find H (SZE,EISD In appendix K, it is shown
that

K
K
H (sizigjsj) =-3%" (k) (yk"'l?K_k 4 uK‘kvk+1) log (uk"'lﬂK_k + UK_kﬂk'H) . (3.107)
k=0

In contrast to example 3, writing the expressions for the eigenvalues involved in the formula
for %£1b)(’—i1) is a tedious task. As such, we finish the calculation of E {L%’gb) (i_il)} by generating
the complete list of these eigenvalues via computer simulation. Setting the SNR at v = 60dB, fig.
3.6 sketches E {t%’glb)(ﬁl)} in terms of p; = v for different values of K. It is seen that the average
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Figure 3.6: Plots of E {ﬁgb)(fil)} in terms of p; = v for different values of K. The value of SNR
is 60dB.

achievable rate per user has two humps and is not maximized at v = % The best performance is
obtained for K =3 and v = 0.09 or v = 0.91.

To show that %1(51) has the same property, i.e., it is not maximized for v = %, let us consider
a special case where the channel gains related to user 1 are given by hy; = 0.8409 — 0.0266/—1,
ho1 = —0.3059—1.1777y/—1, hg1 = —0.810740.8421y/—1 and h4 1 = 0.0886+0.2034\/—1. Setting
K = 3, fig. 3.7 presents the plot of % (h1) in terms of v for SNR=60dB. The maximum of %, (h1)
is 1.577 bits/sec/hz that occurs for v = 0.2 or 0.8. We have also sketched the Gaussian lower bound
log (1 + i ) that is equal to 0.3155 bits/sec/hz.

1+~(lh2,112+|h3,12+|ha,1]?)
The explanation for the existence of the humps is that for any K the MG and IEF factors’ are

both maximized at v = % Since a larger MG yields a larger rate and a larger IEF leads to smaller
values for the rate, the competition between these factors is settled at some v that is not equal to

1
1o

"See remark 1.
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Figure 3.7: Plot of %1(}_51) in terms of p; = v for hy; = 0.8409 — 0.0266+/—1, hg 1 = —0.3059 —
1.1777v/—1, hg1 = —0.8107 + 0.84211/—1 and hy; = 0.0886 + 0.2034y/—1. The value of SNR is
60dB and K = 3.

3.5 Optimality Results

In chapter 2, we studied a decentralized network of users sharing a number of frequency sub-bands
where each user transmits independent Gaussian signals over a randomly selected frequency sub-
bands and repeats this process independently from transmission slot to transmission slot. Using
the time-frequency duality, this is equivalent to the randomized Time Hopping (TH) scenario where
each user remains silent randomly from transmission slot to transmission slot so that other users
have the opportunity of transmission without interference. Let the i*" user transmit the signals
w;.1,W;2, - consecutively during the slots that it is active. This is shown in fig. 3.8 where the
transmission slots during which a user remains silent are shown in black.
Let each user quit transmitting its signal from transmission slot to transmission slot with a

probability of 1 — 6. Dropping the index ¢ in u;; for the sake of notational simplicity, the signal
received at the receiver side of user 1 in a typical transmission slot can be written as

N
Y = 9_%h17101u1 + 9_% Z hi’gciui + 2z (3108)
=2
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Figure 3.8: A typical decentralized network with N = 3 users based on randomized TH. Each user

is independently and randomly active and silent with probabilities # and  respectively.
where ¢; is a Ber(f) random variable that determines if the i*! user is active, i.e.,

(3.109)

1 The it user is active.
ci =
' 0 Oth.

Each u; satisfies the power constraint E{|u;|?} <+, and the factors 0z in (3.108) are incorporated
to guarantee an average transmission power of less than or equal to v per user.
For any 1 <1i < N, if the ith user transmits i.i.d. signals (w;¢)e>0 with PDF p,(.), the highest

achievable rate for user 1 is given by

%1 (h1;60) £ sup (w1, c159,). (3.110)
uy, - ,uy areii.d with PDF py(.)
E{ju1|?} <y
In case N = 2, one might think that selecting 6 = %, the highest achievable rate one can

guarantee for user 1 is %1(51; %) It turns out that this is not the case.



The main result of this section is the following Theorem.

Theorem 3. In a decentralized network of N = 2 users operating based on randomized TH, for any
hi1,h21 € C and 6 € (0,1), user 1 can achieve rates that are larger than ‘51(51; 0) for sufficiently
large values of v. Equivalently, transmission of i.i.d. signals in consecutive transmission slots that

the users are active is suboptimal in the high SNR regime.
To prove Theorem 3, we need the following Lemma.

Lemma 8. Let z; and z2 be circularly symmetric complex Gaussian random variables with variances
o? and o3 respectively and x be independent of (z1,2z2). Then, the answer to the optimization
problem

sup  h(x+2z;) — €h(x + z2)
x:E{|x|2}<c?

is a circularly symmetric complex Gaussian x for any o and any &€ > 1. Also, if 02 < 03, the same

conclusion holds for any & € R.
Proof. This is a direct consequence of Theorem 1 in [75]. O

Our strategy is to find an upper bound on %1(51;0) for arbitrary # € (0,1] and propose an
achievable rate that is larger than this upper bound. Our main tool is the signaling proposed in

this chapter based on random spreading. Throughout the rest of this section, we assume N = 2.
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3.5.1 An Upper Bound on (51(/;1; 6)

One can write

L(ui;yqler) +1(er;41)
L(u1;yyler) + Hier)
I(ul; 9_%h17101U1 + h2}1C2’U;2 + zﬂcl = 1) Pr{q = 1}

L(ui, c1;y;)

IN

+I(u1; 97%h17101’ul + 97%h27102’UJ2 + 21‘01 = 0) PI‘{Cl = 0} + %(9)

—
S
N

HI(ul; 9_%]7/1,111,1 + (9_%}7]2710211,2 + Zl) + %(9)

—
INS

HI(ul; 9_%h171u1 + (9_%h27102’u@ + Z1’02) + %(0)
= 91(u1; 9*%h1,1u1 + Hféhgﬂcg’lm + Zl’CQ = O) Pr {CQ = 0}

+01(U1; 6’_%h171u1 + 9_%h27102u2 + 21|Cg = 1) Pr {C2 = 1} + %(9)
= Hgl(ul, 9_%}11711” + Zl) + 921(11,1; 9_%h171u1 + 9_%]1271’11/2 + Zl) + %(9)
= Hg(h(e_%hl,lul + Zl) — h(zl))

6% (10(6™ 3 gwr + 6™ Fhoyup + 21) — h(0” Fhagus + 21) ) + H(0)

_ 0

ST <h(95h1,1u1 t21) -2 h(0~2hyquy + z1)>

HO2h(0 2 hy1ut + 0 2hyqug + 21) — 00log(me) + H(0)

—
=

= 00 <h(u1 +2)) — Z h(uy + z’1’)> 4 0%h(0" 2 hy uy + 0 2ho U + 21)
+001og(07h11) — 62 1log(0~ha1|?) — 00 log(me) + H(0) (3.111)

where (a) follows due to I(u1;hi1c1ur + he1cous + z1le; = 0) = 0, (b) is by the fact that the
mutual information between the input and output of the channel increases if a “genie” provides
the receiver side of user 1 with ¢g, (¢) follows by the fact that u; and ug are identically distributed
and h(z;) = log(me) and finally (d) follows by the fact that for any complex random variable x

and a € C, we have h(ax) = h(x) + log |a|?. Also, 2z} and 2/ are C\/ (0, ﬁ) and CN (O, ﬁ)

random variables in the last equality in (3.111), respectively. By (3.110) and (3.111), we conclude
that

o) < 60 sw (b2 - 2 b+ 2D)
w1, u2 arei.i.d 0
E{fua 2} <~
+6%  sup h(9_%h1,1u1 + 6_%h271u2 + z1)
uy,ug arei.i.d
B{lua 2} <

+6001og(0~h1 1) — 62 1log(0~ | ha1|?) — 00 log(me). (3.112)
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By the Maximum Entropy Lemma|[80], it is trivial that

sup h(H_%hLlul + 9_%}1271’11,2 + 21) = log (7‘(’69_1 (|h171|2 + |h271|2) Yy + 1) (3.113)
uy,ug arei.i.d
E{|ui[?}<y

Invoking Lemma 8, if% > 1or |h1| > |hoa|, or equivalently, @ > 1 or |hy;1| > |ho1|, the answer

to the optimization maxqy, u,areiid (h(ul +2)) — % h(u; + z’l’)) is a complex Gaussian u; whose
E{|ui?}<y
variance is possibly less than 7. Let the optimum w; for this optimization problem be a CA(0, 02)

random variable. We distinguish the following cases.
1

Case 1-1f 0 > L and hial (0 5, then o2 = 0.
2 [hao,1] 0
1

1 |haal 02 6%0 16
Case 2-1f 0 > 3, ke (5) and v > 5575 il = Ghia]? , then
o2 — 00 1 _ 6

20—1 \ |h21|>  @lh11]2 )"

Case 3-1f § < L1 and lhial 1, then o2 = 1.
2 |h2,1] [

Verification of these cases is a straightforward task which is omitted for the sake of brevity.

Therefore, as far as 6 > %, the term Supay, w,areiid (h(ul +2)) — % h(uy + z’{)) saturates by

E{|u1|?}<y
increasing . Using this fact together with (3.112) and (3.113),

= Y
%€1(h1:0) < 6%log . (3.114)

as far as 6 > % and for any hi1,h21 € C.

On the other hand, if # < 1 and }Z;j > 1,

0 0—0
sup <h(u1 +2)) — 7 h(uy + z'{)) L i log . (3.115)

w1 ,u2 arei.i.d
E{|ui[*} <y

Using this together with (3.112) and (3.113),

. v
cgl (hl; 9) S 00 logv (3116)
as far as 0 < 3 and }Z;: < 1. However, we can remove the condition IZ;I > 1 by noting that

%1(h1;0) is an increasing function of |h1,1]. Hence, (3.116) holds for all § < 3 regardless of the

values of hq 1 and hg .
To recap,
o g _
€1(h1;0) < max{6?,00} log . (3.117)
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3.5.2 Achieving Rates Larger Than %, (h,;0)

A variant approach for signaling by any user is to not transmit i.i.d. signals in consecutive activ-
ity intervals (transmission slots where the user is not silent). Let each user apply the signaling
scheme presented in this chapter where the signature vectors §; and 8o have length K = 2 and are
generated according to the PMF (gq)qea over an alphabet A such that 0 ¢ A. Since the output
of the transmitter for each user is automatically nulled independently from transmission slot to
transmission slot, one can think of the signature vectors at the output of the switch for user 1 and
user 2 as vectors 3; and S being constructed over the augmented alphabet A = A U {0} where
based on our previous notation gy = € = 0. By Proposition 5, the achievable rate of user 1 scales

like
Ry (hy) %Pr {5’1 ¢ span{gg}} . (3.118)

- g -
We are interested in values of 0 so that €1 (h1;0) < %1(hy) is satisfied strictly. By (3.117) and
(3.118), it is sufficient to explore the values of € in the set Z4 defined by

Is2 {0 € (0,1] : %Pr {5’1 ¢ span{%}} > max{@g,%}} . (3.119)

Let A= {-1,1} and 1 = ¢_1 = 3. By (3.46) in example 2, one can see that

~ ~ 9 - 6
Pr {§1 ¢ span{§2}} =1-0"—2(00)* - 5 (3.120)
By (3.119), we require that
—2 — 6 -
1-6 —2@9?——§f>2nmxw290} (3.121)
Solving this inequality yields
T,y =€ (0.31,0.566). (3.122)

Next, we show through an example that for any two alphabets A; and As with the property
A1 € Az, we have T4, C Z4,.

Let A={-2,-1,1,2} andqgo=q1=q = ¢ = %. Then, the elements of 3, and 8o are
i.i.d. random variables taking the values 0, —2, —1, 1 and 2 with probabilities 0, %, %, % and %
respectively. The event 5'1 S span{g'g} occurs if and only if js;l = 62 or g’l #+ 62 and A.s:’l = i:ég or

g’l = :|:2§2 or g'l = i%gg. It is easy to see that

) 30

Pr {As:’l ¢ span{g'g}} =1-0" - 2(09) 16" (3.123)
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By (3.119), characterization of Zy_5 _; ; 9 requires

22 —, 304 5 =
1—60"—2(00) — 16 > 2max{6°,00}. (3.124)
Solving this inequality yields
I{_27_171,2} = (0297,0588) (3125)

Therefore, Zy_1 13 & Z{_2 1,12 as desired. This completes the proof of Theorem 3, because by

expanding the alphabet, one can cover the whole interval (0, 1) for 6.
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Chapter 4

Block-Asynchronous Decentralized
Networks

4.1 System Model

We consider an interference channel with two users of separate transmitter-receiver pairs. The
network is assumed to be decentralized, i.e., there is no explicit cooperation among users. In par-
ticular, users are not aware of each other’s code-books. This implies that interference cancellation
is not possible and users treat each other’s signal as noise. The channel from transmitter ¢ to
receiver j is modeled by a static and non-frequency selective gain h; ;. For simplicity of analysis,
we assume the channel from each transmitter to each receiver is slotted and the symbol intervals
on any of the four channels from different transmitters to different receivers coincide. Therefore,
the two users are symbol-synchronized, i.e., they are synchronous at the symbol level. Both users
utilize codewords of length T, i.e., any codeword has T symbols and each symbol is transmitted
in one symbol interval. User 1 (similar notation is applied for user 2) chooses its message in a
set of size 2lTE) where R is the transmission rate' in bits/symbol. User 1 assigns a codeword
(acl,t)tT:_Ol = (x1,0, - ,T1,7—1) consisting of zero-mean random variables? to each of its messages.
Thereafter, (ml,t)z:ol is transmitted in 71" consecutive symbol intervals called a transmission block.

We assume
1 T-1
TZE{’ml,t‘Q} <7 (4.1)
t=0

i.e., the average transmission power per code symbol is less than or equal to 7.

!For fairness, we assume the transmission rates of both users are the same.
2We define x1, =0fort > T and t < 0. Also, the PDF of @, for any 0 <¢ < T — 1 is not Gaussian in general.
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We assume the rate of data arrival for both users is such that they may not have enough data
in their buffers and hence, the transmitted codewords by any user look like intermittent bursts
along the time axis. Whether a user is transmitting a codeword or not, a number of k£ bits arrive
in its buffer with a probability of ¢ or no new data is received with a probability of 1 — g during
each symbol interval®. As soon as the number of bits in the buffer exceeds or is equal to |TR],
a codeword representing |T'R| bits is transmitted. Afterwards, the user remains silent until, once
again, enough data is accumulated in its queue. It is shown in [70] that the probability of data
loss with a finite buffer size can be made arbitrarily small if and only if R > kq. Users are block-
asynchronous in the sense that there exists a delay between their transmitted codewords. This is
due to the fact that the data streams of the two users are independent, i.e., if one user has enough
data for transmission, the other user may still need to wait to receive more data in its buffer.
Another reason is the mismatch between the activation instants of the users. In practice, one user
may become active before the other user joins the network.

Noting that the codewords are of equal length, the transmitted codeword by any user can at
most overlap with two transmitted codewords of the other user. For simplicity of analysis and in
order to get insight into the behavior of the system, we assume that the rate of data arrival is low
enough to ensure each transmitted codeword by any user overlaps with at most one transmitted
codeword by the other user. This can be guaranteed if the gap between any two consecutive
transmitted codewords by each user is larger than or equal to T symbol intervals®. This certainly
holds if R > 2k. For R < 2k and as far as % is a rational number, we are able to find a range for ¢
such that for sufficiently large T', the gap between any two consecutive codewords is greater than

or equal to T almost surely. The following Proposition states our result.

Proposition 7. Let % = % < 2 where a,b € N and the greatest common divisor of a and b is 1.
For sufficiently large codeword length T, the gap between any two consecutive codewords is greater
than or equal to T if
o0
Z (1-IL_¢((2b—a)m —1,am)) < o0 (4.2)
m=1

where ) .
foc 711 - 7)¢ ~ldr

I c’,c” £
el ) fol 7¢=1(1 — 7)"—1dr

(4.3)

is the regularized incomplete beta function [86] for ¢, " € N and ¢ € (0,1).

3The same stochastic model for the input data streams is considered in [70] and references therein.
41t is straightforward to extend our analysis to include the general case. To fulfill this purpose, one must compute

the distribution of the gap between any two consecutive transmitted codewords by each user. This distribution

depends on the parameters k, ¢, T and R.
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Proof. Let |TR] be divisible by k, i.e., |TR| = nk for some n € N. As soon as the number of
bits in the queue of user 1 is |TR], a codeword is sent in 7' symbol intervals. Let Ap be the
event that the number of bits received in the queue of user 1 during 27" — 2 consecutive symbol
intervals is greater than or equal to |TR]. In this case, the number of symbol intervals that user
1 remains silent and waits for enough bits in its queue in order to transmit the next codeword is
less than or equal to T' — 1. Therefore, a codeword transmitted by user 2 may overlap with these

two consecutively transmitted codewords by user 1. We have

27T -2
Pr{dr} = ) (2Tl_ 2) ¢'(1—q)* !

l=n
n—1
2T — 2 _o_
— 1_2( l >ql(1_q)2T21
=0
= 1-15_,(2T —n—1,n) (4.4)

where the last step is by the properties of the regularized incomplete beta function [86] defined in
(4.3).

For fixed R and k, let 11,75, T3, -+ be an increasing sequence of values for T such that |7, R|
is divisible by k for m > 1. If R, k and g are such that

g:lpr{ATm} = i <1 I, (2Tm - LT’ZRJ 1, LT’ZRJ )) < o0, (4.5)

m=1

we conclude by the Borel-Cantelli Lemma [89] that there is mo € N such that Pr{Ag, } = 0 for

m > mp. Assuming % = %, welet Ty, = bm in (4.5). The result of the Proposition is immediate. [

As an example, let % = %. By (4.2), we are interested in values of ¢ such that
oo
> (1= Ti_g(6m —1,4m)) < oo. (4.6)
m=1

Simulation results show that (4.6) holds for any ¢ < 0.4 and does not hold for any ¢ > 0.4.
Therefore, if % = % and ¢ < 0.4, our assumption is valid for sufficiently large 7'
Let @1 o be transmitted at time instant ¢ = 0. The signal received at the receiver side of user 1

at time instant ¢ > 0 is

yi[t] = b1 + ho T2 —dy + 21t] (4.7)

where dr € Z is a random integer representing the asynchrony between the users and z[t] ~

CN(0,1) is the ambient noise® at the receiver side of user 1 at time instant ¢. Since the ambient

®Similarly, z2[t] ~ CN(0,1).
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Z1,0 t L1,dp te T1,7-1

T2,0 ce T2 T—dp—1 ce To2T-1

Figure 4.1: There is a mutual delay dr between the transmitted codewords of the two users. Users

are assumed to be synchronous at the symbol level.

noise has unit variance, the parameter v is a measure of SNR throughout the chapter. It is seen
that if |dr| > T, there is no interference between the two users. On the other hand, if |dr| < T —1,
the codewords of the two users overlap.

In order to model the asynchrony, we define an auxiliary random variable a with support
supp(a) = [O, %] called the asynchrony random variable whose PDF, po(.), is globally known to
all users. This random variable is used to describe the distribution of dr. Given a realization « of
a, we assume dp is uniformly distributed over the set of integers in the interval [1 — 7,7 — 1]. Let
us define

Ar(a) £ Pr{dr =t|a =a} (4.8)

for allt € [1 —T,T —1]NZ. Since Pr{|dy| > T} = 1 — (2T — 1)Ar(@) > 0, we have Ap(a) < 57—
This yields
lim Ar(a) = 0. (4.9)

T—o0
Moreover, we assume limp_,, T'A7(«) exists and is equal to a, i.e.,

lim TAr(a) = . (4.10)

T—o00

Since limy_,00 TAr(ar) < limp_, o % = %, the assumption made in (4.10) is consistent with the
definition of the support of a. If = 0, the probability that there is no overlap between the
codewords of the users tends to 1 by increasing T'. On the other hand, if a = %, the codewords
overlap (partially or completely) with a probability that approaches 1 as T" tends to infinity.
Let us denote the interference at the receiver side of user 1 caused by user 2 at time instant ¢
by
wy[t] £ hao 12t dy- (4.11)

From the viewpoint of receiver 1, if the knowledge about the realization of dr is not available,

the sequence ('wl[t])f:_ol is not an ergodic process in the sense that the Entropy Ergodic Theorem
. 1 w cew — PR T— .
[87] does not hold for (w[t])L}, ie., ——22waldle (T lr}(wl[o] @ Goes not converge (with

probability 1) to the entropy rate of (w1[t])L;" as T tends to infinity. This is true even if (z2,){ g
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is entropy ergodic. We assume the receivers are able to measure (without error) the realization of
dr by the end of the transmission block (consisting of T symbol intervals) and perform the decoding
procedure afterwards. On the other hand, even if the receivers are aware of dr, due to the fact that
the transmitters are unaware of the realizations of v and dp, the channel is non-ergodic from the
transmitters’ standpoint®. In this setup, a commonly used computational tool to assess the system

performance is the probability of outage which is the subject of the next section.

4.2 QOutage Analysis

In this section we assume the channel gains h;; are realizations of i.i.d. random variables h; ;
representing Rayleigh fading, i.e., h; ; ~ CN'(0,1). As mentioned before, transmitters are unaware
of the realizations of a and dp. We assume the transmitters are unaware of the realizations of the
channel gains as well. The receivers are assumed to be capable of estimating dr and the channel
gains. In fact, the decoders need to know the true amount of delay and the values of channel gains
for successful maximum likelihood or joint typicality decoding.

Let hy £ <h1,1 h2’1>t be the vector containing the channel gains related to user 1. The outage

event for user 1 is defined by
Ol,T =S {’21, dr,o: :@177“ < R} (4.12)

where
(@05 (1075
T

is the highest achievable rate of user 1 as if this user was aware of ﬁl, dr and a. The sup is taken

A\ = sup (4.13)

over the set of all joint PDFs for (acl,t)th_O1 that satisfy the Entropy Ergodic Theorem. We note
that the mutual information I ((Qfl,t)tT;ol; (yl,t)z:ol> is a function of the random quantities hy, dp

and a, i.e., these quantities are treated as parameters in order to calculate I <(a:1,t)z:ol; (yl’t)tT;Ol).

Hence, #Z1 7 is a function of f_il, dr and a and therefore, it is a random variable. In general, finding
1,1 is an open problem. In fact, the optimum joint distribution of (mlyt)tT:*Ol is unknown. Our
strategy is to assume a particular choice for the joint PDF of (33171:)?:_01 that yields a lower bound

%’gn}) on #11. These constitute the materials to be offered in this section.

Let us define the event Ogu}) by

o 2 {1 dr,a: 23 < R} (4.14)

5Tn the context of compound channels[88], the achievable rate of each user corresponds to the worst case where

both users always overlap completely.
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Noting that Pr{O;r} < Pr {Ogl?}, we develop an upper bound on the probability of outage by

computing limp_, ., Pr {(’)gu})} in the limit as T' tends to infinity. In part 3 of the current section,

invoking the celebrated Lebesgue Dominated Convergence Theorem (LDCT) [89] in Proposition 8,

we find an expression for limy_, ., Pr {Oglgﬂ)}. The main problem that rises at this point is that

computing Pr {Oglk})} is a difficult task. Therefore, one can not compute Pr {OEH%)} in closed form

and find its limit directly as T tends to infinity. A way around this difficulty is to write Pr {Og?)}

as B {]I {%gu}) < R}} Hence, if one can show that limp_ 1 {L%’gle) < R} exists almost surely,

then LDCT can be applied to yield limp_, o Pr {Ogn%)} =E {limT_,oo I {%gl? < R}}

Next, we introduce our signaling scheme called Randomized Masking (RM).

4.2.1 Randomized Masking

Following the randomized resource allocation strategies introduced in the previous chapters, we
assume each transmitter transmits a Gaussian symbol in each symbol interval with a probability
of § € (0,1] and remains silent with a probability of §. This process repeats independently from
symbol interval to symbol interval. This scheme is called Randomized Masking with activity factor
6. In fact, (a:l,t)tT:_Ol is an i.i.d. sequence where the PDF of x1; for any 0 < ¢ < T — 1 is given by
05(.) + Oglc) (.,%). The codeword of user 1 can be written as

(1,0, ,x17-1) = (Bec1081,0, -+, e 7—181,7-1) (4.15)

where (CLt)Z—‘:_Ol are independent Ber(6) random variables, (sl,t)tT:_Ol are independent Gaussian ran-
dom variables with variance ~, and § = % is a scaling factor that is included in order to guarantee
(4.1). Note that taking § = 1 is equivalent to continuous transmission of Gaussian signals.

By (4.7), the signal received at the receiver side of user 1 at time instant ¢ > 0 can be written

as
y1[t] = Bhiici st + Bhaicai—dyS2.-dy + 21[t]- (4.16)

Since user 1 is unaware of the on-off pattern of user 2, the noise plus interference at receiver
1 has a mixed Gaussian PDF. As such, the mutual information (assuming user 1 is aware of
the realizations of delay and channel gains) has no closed formulation. Invoking entropy power
inequality [80] and developing a new upper bound on the differential entropy of a complex and
circularly symmetric mixed Gaussian random variable, we obtain an achievable rate for user 1 as

- t
if this user knew the realizations hy = (hLl hgvl) , dr and a.
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. Ib
4.2.2 Developing QET)

Let us define
TE{0<t<T—-1:c1;4=1} (4.17)
and

S&{dr,dr+1,--- ,dpr +T —1}. (4.18)

The random set 7  contains the time instants that masking is not performed by user 1, while S is
the set of time instants that the codeword of user 2 may overlap’ with the codeword of user 1. We

can write

H@oid i) = 1((eusi)ih i)

(s1.0)er T3 (7))
(s1.)te: T3 (Y1 [t)eeT)

/N N

I
I

—~

+1 ((s1,6)te7, T3 (y l[t])tgéT‘(yl[t])tET)

()
L((s1,0)te> T (Y1 [t])ie)

(Y [ier) +1((s1.0)1eTs (W1 [)ier|T)

,\
(AV2G)

—
Sy
=

(T
( s1e)teT; (Yt teT‘T

I( 51,t) teT\S3 (y,[t] teT\S‘T)
+I ((s1,0)tezns: (W1[t)ierns|T)

(4.19)

where (a) holds since the two collections (c1481¢)l_g and ((s14)ie7,T) are equivalent, i.e., one
yields the other, (b) and (¢) are due to I ((817t)t€'1', 7T, (yl[t])t@—‘ (yl[t])tey) > 0and I(T; (y1[t))ter) =
0, respectively, and finally, (d) follows from the fact that for each realization 7 of T, the collection of

random variables ((Sl,t)teT\Sa (y, [t])teT\S) is independent of the collection ((s1¢)tezns, (Y1[t])teTns)-
We compute the two terms on the right side of (4.19) separately.

"Overlap happens if and only if |dr| < T — 1.
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Computation of I ((317t)t€7—\3; (yl[t])teT\SlT)

We have
I((s1)ienss lthens|T) = > Pr{T =T} ((s1)ems; Wil ens|T = T)
T esupp(7T)
= > Pr{T =T} ((s1.0)iens; W1t iens)
T esupp(T)
® _ 1>y
= > Pr{T =T}T\S|log (1 +—
T esupp(7T)
— B{T\S|}ulf) (4.20)
where . il
u(h1) £ log <1 + 6> . (4.21)

In (4.20), (a) holds by independence of T and the collection ((s1:)ier\s: (Y1[t])ter\s) for any
7T € supp(7). Also, (b) is due to the fact that for any 7 € supp(7),

(Y1lthier\s = (Bh1181.1)ten\s + (21[t))ien\s- (4.22)

Finally, it is easy to verify that

_Joer dp|>T
E{|T\S|} = { Oldr| |dr|<T—1 " (429
Computation of I ((s1¢)iezns; (Y1[t)iezns|T)
We have
L((s1)tezns; (w[terns|T) = Z Pr{T = T}1((s10)iezns; (i[t)ezns|T = T)
T esupp(7T)
= Z Pr{T =T} 1((s1,t)te7ns; (Y1[t])ierns) -
Tesupp(T)
(4.24)
For any 7 € supp(7),
(y1[t)ierns = (Bh1181,0)tetns + (wilt] + z1[t])ieTns. (4.25)
This yields
L((s1,0)terns: (Wi [t)erns) = h (Y1 [t)ierns) — h (w1lt] + z1[t])teTns) - (4.26)
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Applying the entropy power inequality® to (4.25),

Qﬁh((%[ﬂ)tefms) > 2‘77r175|h((ﬁh1,1817t)t67'ﬁ5) + Qﬁh((wl[t]'f'zl[t])te?’ms). (4.27)
Dividing both sides by 2ﬁh((wl[t]+zl[t])tefm$),

h ((y1[t])terns) —h ((wit] + z1[t])ierns)
> |7 NS|log (2ﬁ(h((ﬁhl,lSl,t)tETms)—h((’wl[tHzl[ﬂ)teTms)) + 1)

1 o melhy 1%y h((w >
1T N S| log <2T03| (\TQSII g(io ) h((w1[t]+ 1[ﬂ)t€7r‘1$)) n 1> (4.28)

2
where the last step follows by h((8h11814)terns) = |7 N S|log %. However, (wi[t] +
z1[t])teTns is a mixed Gaussian sequence. As a result, its differential entropy does not have a

closed expression. Using the following Lemma, we obtain an upper bound on this quantity.

Lemma 9. Let x be a circularly symmetric and compler mized Gaussian random variable with

PDF
D 2 (©) (o2 T
px(x) = p1gy (x5 07) + p2gy’ (x,03) (4.29)

where 03 < 03 and py and pa are positive numbers such that py + pa = 1. Then,

h(x) < —pilogpi — palogps + pilog (reat) + p2 log (reos)
2 2 2
o o o
—p1 log <1 + m;) — 272721 log (1 + ]91§> : (4.30)
b1 05 05 P2 071
Proof. This is a special case of the bound developed in appendix A for a mixed Gaussian random

variable with two variance levels. O
Since the elements of the sequence (w1[t] + z1[t])ieTns are i.i.d.,
h ((w1t] + z1[t])terns) = |7 N Slh (w1 to] + z1[to)) (4.31)

where t( is an arbitrary element of 7 N'S. The PDF of w[to] + z1[to] is a mixed Gaussian PDF

lha,1 2y
0

consisting of two Gaussian PDFs with variances 1 and 1 + and corresponding probabilities

0 and 0, respectively. Applying Lemma 9,

h (w1 [to] + z1[te]) < log(me) + H°(0) + 0 log (1 + |h2;|27>

] 2
—0flog 1—1—2 |}1L = e |z E log (1+0<1+‘h2’1‘ 7))
014 2l 1 4 2l 0 0

(4.32)

8We note that all sequences are complex, i.e., they have 2|7 N S| real dimensions.
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As such,

h((wilt] + z1[t])terns) < [T NS (log(ﬂe) + #(0) + 0log (1 n !h2,1!27)>

0
— 1
—|T N S|flog (1 + Z)

|h2,1]?
1+ 225
1T NS|o 0 |h 1 |*y
-1 1+- 14 —— . 4.
-~ \h2,61\2’¥ og |1+ 7 + 7 (4.33)
Substituting this in (4.28),
b (g1 [)eens) = b ((wilt] + z1lt])ierns) = 17 N Slo(h) (4.34)
where
2 o__
—(0) 2 0 1 [ ha1|%y h2.1 1%y
. 2 ( ’hll’ 7<1+91+}L2,01|2'Y> <1+9 (1+ 7] ))1+ 2]
v(h1) = log 7 +1|. (4.35)
6 (1 + |h2,91‘27)
By (4.24) and (4.34),
I((s1,t)terns; (%[ﬂ)teTmS‘T) > E{|T NS} o(h). (4.36)
Finally, E{|7 N S|} can be calculated as
0 dp| >T
E{TNS|} = dr| = (4.37)
0T — |drl) |drl <T—1

Note that I((Sl,t)teT\S§ (yl[t])teT\S‘T) is computed in closed form, however, we have only
relied on a lower bound on I ((Sl’t)te'fmg; (%[ﬂ)teTms‘T)-
According to (4.19), (4.20) and (4.36),

(@2 D) = BEUT\S ulfn) + E{T 0 S[}v(in). (4.38)
Recalling the definition of %1 in (4.13), the expression in (4.38) motivates us to define %’glk%) as
@17 £ u(ha) ey +v(ha)dr (4.39)
where the random variables ¢ and 1 are given by
s E{IT\S[} 0 dr| =T
i L bl E R 4.40
Pr T 9\;T| dr| <T -1 ( )
and
dr|>T
¢TéE{|’TﬂS!}: 0|d‘ |dr| > (4.41)
T 0(1—-57) ldr|<T -1
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4.2.3 Computation of limy_,, Pr {(991})}
Forany t € [1—-T,T — 1] NZ, let

vp 2 Pr{dr =t}

1

= /02 Pr {dT = t‘a = a}pa(a)doz

N

= /0 Ar(a)pa(a)da. (4.42)

For simplicity of notation, we show the event {le, dr,o: %’Ub) < R} by {%)gle) < R}. Using the

tower property for conditional expectations [89],
re{of} = B{1{#7 <r}}
= e{e{1{#} < r}|n}}. (4.43)

As such, we need to compute E {]I {%?T < R} ’hl} We have

{ {%(fT < R} ’h1} = E {]1 {U(FLI)SOT + U(ﬁl)¢T < R} ‘El}
= E{]I {u(ﬁl)tpT—i—v(ﬁl)'l,bT < R} I{|d7| ZT}‘ﬁl}
+ TZ_I E {11 {u(ﬁlypT +o(hy)Yg < R} {dy = d}‘fil}

d=—(T-1)
(4.44)

where the last step is due to the fact that I{|dp| > T} + Z T 1) I{dy = d} = 1. To compute
the first term on the right side of (4.44), we note that as long as |dr| > T', then ¢, = 6 and
¥ = 0. Therefore,

=

]I{u( D + o)y < R}]I{|dT\ > T}‘hl}

E{1{ou(hr) < R}1{ldr| = T} |}

IS

E{]I ou(Ry) < R} |y} BAT {|dr| > T} }

|I®

{ Ou(hy) < R} Pr {|dr| > T}

9 {eu(le) < R} (1— (27 - 1)vy) (4.45)

—
N

where (a) follows by independence of dy and hq, (b) is due to the fact that I {Gu(fil) < R} is a
deterministic function of hy, and (c) is by definition (4.42).
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To compute the second term on the right side of (4.44), we need the following Lemma.
Lemma 10. The inequality u(hy) > v(h1) holds almost surely.
Proof. See appendix L. O

We can write

Tl E {11 {u(*l)goT +o(hy)py < }]I{dT - d}‘ﬁl}
= Y ey B{T{ %) + 0 (1= i) o) < R} 1{dr = a} |1 |
= Y e B{T{ %) + 0 (1= 4) o) < R} | } B{1{dr = a}}
)

= Ty I{Hu(hn) +0 (1= ) v(h) < B} Pr{dy = d}
(a) R—6v(h1
IR ZD D 1>H{|d‘ < ﬁT}
@ {(91; h1 < R}VTde (T-1) {|d| < 0(u
R—0v(hy
{(911 h1 < R} vr d_ (T 1) H{‘d‘ < Le(u(&)—v(i%ﬂ)TJ}
(2 {91} h1 < R} vr (1 + 2min { 1’ La(u?fii%;(lél))TJ }>
R—0v(hy) 1
{HU () < R} { Bu(hn)— v(lhl)) =1-7 !
R

I
R—0v(hq) _ R—0v(h1)
} {ew o)) < } <1 +2 b(u(ﬁl)—v(ﬁl))TJ) vr (446)

where () follows by Lemma 10, (b) is due to the fact that if R < @v(F;), then we have I {|d\ < #%T} =
u(hy)—v(hy
R—6uv(h1) . .
i) o)) J} being equal to the size of tlrie set
X . R—6v(h1) . R—6v(h1)

< _ 1, | Bteh) 1< | b))
{d € Z:|d| < min {Tﬂ 1, {g(u(hl)iv(hl))TJ }}, and (d) holds by noting that T—1 < {e(u(hl)iv(hl))TJ
. . R*@’U(hl) > 1
if and only if i) —o(ir)) = 1— .

By (4.44), (4.45) and (4.46), one can write E {11 {%Ub) < R} ‘hl}

0, (¢) is a consequence of Z:ff:__l(T 1 {|d\ < {

E{ { " <R iil (1—( 2T—1)VT)]1{9u(E,1)<R}

} -
+1{6v (k1) <R}]I{9ul? 19“:
|

1)
hy
R — v E’Z < 1—1} <1+2 { R:Wﬁll TJ) vr.
0( u( 1) —v(hy)) T O(u(hy) —v(hy))
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The following Proposition yields lim7_, o, Pr {Ogn})}. It is shown that limp_, Pr {O(lb)} depends
on the PDF of a only through E{a}.

Proposition 8. Let

X(R,7,0) £ Pr {9u(ﬁ’1) < R} (4.48)
and . B .
(R — Ou(hy))I {Hv(hl) <R< 9u(h1)}
w(R,7,0) £ 2E = = (4.49)
O0(u(h1) — v(h1))
Then,
. (Ib) | _
Thm Pr {Ol,T} = X(R,7,0) + w(R,v,0)E{a}. (4.50)
Proof. To prove the Proposition, we need to verify
lim vp =0 (4.51)
T—o0
and
lim Tvyr = E{a}. (4.52)
T—o00

For now, let us take these facts for granted. We will get back to the verification of (4.51) and (4.52)
after proving the result of the Proposition.
The key idea is to use the Lebesgue Dominated Convergence Theorem (LDCT) [89]. By (4.43),

ppe{om) — e {e{e{ot <))
@ E{TLEEOE{]I{%SIOT) <R} ‘El}} (4.53)

where (a) is due to LDCT. To justify the use of LDCT, we need to check the following. Firstly, we
need to show that limp_,o E {H {%’gn}) < R} ‘ﬁl} exists almost surely. To verify this existence, we
use (4.47), (4.51) and (4.52). It is clear that

lim Pr{|dy| > T} {ou(hr) < R} = (1 = 2B {a})T {9u(ﬁl) < R} (4.54)
and
, " R — 6v(hy) 1
Jim 1 {Ov(hl) < R} i R 21)) >1- T} 2T — Dy

—
S
=

(
& 2E{a}ﬂ{6v(ﬁ,1) < R}]I Ou(hy) < R
28 {a} 1 {0 max {u(hr),v(h1) } < R}

9F {a} I {Hu(l—il) < R} . (4.55)

—~
S
=
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where (a) is due to the fact that limg_,o I {#1% >1- %} =1 {Hu(f_il) < R} and (b) is a
u(hi)—v(hy
consequence of Lemma 10. Also, using a — 1 < |a] < a for any a € R, it is easily seen that

. . R —06v(hy 1 R—0v
jlgréoﬂ{ﬂv(hl) < R}H{g(u(ﬁ | (v(hl 5 < 1- T} <1+2 {9(@0(}2 | (v<h2 ))TJ) vr
2E {a} (R — 9v(ﬁ

0(u(hy) — v(h1))
By (4.47), (4.54), (4.55) and (4.56),

Dy {Hv(le) <R< 0u(le)} . (4.56)

lim B{1{#{} < R} |} = 1{ou(hr) < R}

T—o00

2B {a} (R~ ev(f; ))H{gv(fil) <R <0u(f)}.

O(u(h1) —v(h1))
(4.57)
Secondly, there must exist a random variable (or a constant) Y such that
E {]1 {%’“b) < R} ‘hl} <Y (4.58)

for any T > 1 and E{Y} < oo. Clearly, one can take ¥ = 1.

This concludes the proof of (4.50).

Finally, we need to verify (4.51) and (4.52). By (4.42), v = E{Ar(a)}. However, A\r(a) <1
for any T > 1 and limp_,o Ar(a) = 0 almost surely. Hence, by LDCT,

Jim v = Jim B i)
= E< lim A
Lim e
= 0. (4.59)
The expression in (4.52) can be proved similarly. This concludes the Proposition. O

The following Corollary yields the exact (not an upper bound) probability of outage for contin-

uous transmission (# = 1) of Gaussian codewords known as the CT scheme.

Corollary 3. In the CT scheme, the exact value of the probability of outage is given by x(R,1) +
w(R,1)E{a}.

Proof. By Proposition 8, x(R, 1) +w(R,1)E{a} is an upper bound on the probability of outage for
the CT scheme. To prove that this upper bound is tight, it suffices to show that %gle) is in fact the

exact achievable rate attained by transmitting Gaussian codewords without adopting the masking
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scenario. We already know that I ((s1)ieqs; (1 [t])ies|T) is exactly equal to E {|T\S|} u(hy).
However, I ((s1,¢)ierns; (¥1[t])iezns|T) is only an upper bound to E {|7 N S|} v(h1). By (4.39),
it is sufficient to show that setting # = 1 implies that I((SLt)teTms; (yl[t])teq—ms}’f) is equal to
E{|T N8|} v(h1). The only steps that make I((s1,0)teTns; (yl[t])teTmS‘T) be an upper bound
to E{|7 NS|}v(hy) are in (4.27) (use of entropy power inequality) and (4.32) (the upper bound
on the differential entropy of a complex mixed Gaussian random variable). Setting # = 1 makes
the sequences (a:l,t)tT;Ol and (azg,t)tT:Bl be Gaussian. Since the entropy power inequality is tight for
Gaussian vectors and the upper bound given in Lemma 9 is tight for Gaussian random variables,

the proof of the Corollary is complete. O

The upper bound on the probability of outage given in Proposition 8 is not tight for § < 1. In
the next section, we demonstrate that the minimum of x(R,~,0) + w(R, v, 0)E{a} occurs for some
0 that is less than 1. Since setting # = 1 results in the exact probability of outage, we conclude
that the RM scheme in fact decreases the probability of outage per user. Equivalently, through
using the RM scheme, it is possible to transmit at higher transmission rates, while the probability

of outage is kept below a certain threshold.

4.3 System Design and Simulation Results

In the previous section we have developed an upper bound on the probability of outage given by
Thm Pr {OI,T} < X(Rv s 0) + W(Ra s G)E{Ol} (460)
—00

Our goal is to find € that minimizes this upper bound on the probability of outage. As such, we
set § = O(R,~y) where

~

O(R,7) 2 arg min (X(R,7.0) +w(R,7,0)E{a}). (4.61)
0€(0,1]

The design criteria in (4.61) only depends on E {a}. In the following, we refer to E {a} as «p.

The performance evaluation is based on fixing a threshold ¢ € (0,1) and finding the largest
transmission rate R(e) such that the probability of outage does not exceed . However, since we
only have an upper bound on the probability of outage, we can only obtain a lower bound on R(¢)
as far as § < 1. Also, by Corollary 3 we have the exact value of R(¢) for 6 = 1.

In practice, the users may not have any knowledge about «g. In this case, the design rule in
(4.61) is applied for the extreme case where ap = 0.5. Figure 4.2 (the leftmost plot) demonstrates
the performance of the RM strategy designed for ag = 0.5 compared to the performance achieved
by CT that is designed for various actual values of agy. The curves show the highest transmission

rates in terms of SNR to guarantee a probability of outage less than £ = 0.01. Note that the RM
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scheme would offer a better performance if it was designed for the actual value of . It is seen that
even though the RM scheme is designed to handle the worst case, its performance is still superior
to that of the CT scenario for a wide range of «g. For example, it is seen that if ag = 0.1, the
RM scheme (designed for ap = 0.5) offers a better performance than CT (designed for the actual
value ap = 0.1) for at least all values of SNR larger than 36dB. In fig. 4.2 (the middle plot), the
corresponding activity factors used in the RM scheme designed for ag = 0.5 at different SNR values
are shown. In case the actual value of aq is less than 0.5, one expects the probability of outage be
less than 0.01 by regulating the transmission rate and the activity factor in the RM scheme at the
values given in fig. 4.2 (the leftmost and middle plots, respectively). This is confirmed in fig. 4.2
(the rightmost plot).

In another scenario, we let both RM and CT be designed for the actual values of ag. Figure
4.3 compares the performance of the RM and CT schemes in terms of the transmission rate vs.
SNR for different values of ag. The probability of outage is not allowed to exceed ¢ = 0.01. The
supremacy of RM over CT becomes more apparent for larger values of ag. This is because the

probability that the codewords of the two users overlap increases as ay becomes larger.
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Figure 4.2: The leftmost plot presents sketch of transmission rate vs. SNR for RM and CT. The
RM scheme is designed for ag = 0.5. However, the curves related to the CT scheme are sketched
for actual values of cg = 0.1,0.3 or 0.5. The probability of outage is not allowed to exceed 0.01, i.e.,
¢ = 0.01. The middle plot demonstrates the activity factor (0) related to the RM scheme designed
for ap = 0.5 and € = 0.01. The rightmost plot shows the upper bound on the probability of outage

for the RM scheme (designed in terms of transmission rate and activity factor for ap = 0.5 and

e = 0.01) in case the actual value of ag is 0.1 or 0.3.
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the delay parameter. The probability of outage is not allowed to exceed 0.01.
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Chapter 5

Conclusion and Future Research

5.1 Conclusion

In chapter 2, we have addressed a decentralized wireless communication network with a fixed
number u of frequency sub-bands to be shared among N transmitter-receiver pairs. It is assumed
that the number of active users is a realization of a random variable with a given distribution.
Moreover, users are assumed to be unaware of each other’s codebook and hence, no multiuser
detection is possible. We proposed a randomized Frequency Hopping (FH) scheme in which each
transmitter randomly hops over subsets of the v sub-bands from transmission slot to transmission
slot. Assuming all users transmit Gaussian signals, the distribution of noise plus interference is
mixed Gaussian, which makes the calculation of the mutual information between the input and
output of each user intractable. We derived lower and upper bounds on this mutual information
and demonstrated that for large SNR values, the two bounds coincide. This observation enabled us
to compute the sum multiplexing gain of the system and obtain the optimum hopping strategy for
maximizing this value. We compared the performance of the FH with that of the FD in terms of
the following performance measures: average sum multiplexing gain (77(1)) and average minimum
multiplexing gain per user (7(®)). We showed that (depending on the probability mass function
of the number of active users) the FH system can offer a significant improvement in terms of 7(")
and 7® (implying a more efficient usage of the spectrum). In the sequel, we considered a scenario
where the channel gains are quasi-static Rayleigh fading. The transmitters are assumed to be
unaware of the number of active users in the network as well as the channel gains. Developing a
new upper bound on the differential entropy of a mixed Gaussian random vector and via entropy
power inequality, we offered three lower bounds on the e-outage capacity for each user in the
proposed scheme. Asymptotic analysis was presented in terms of SNR and outage threshold. In

the asymptotically small € regime, we observed that the maximum outage capacity is obtained for
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either v = 1 or v = u; in the asymptotically small SNR regime, we demonstrated that for all values

of v the system achieves the optimal performance; for asymptotically large SNR, it is shown that

Uopt = {n:}‘ax—‘, where npax is the maximum number of concurrently active users in the network.
We compared the outage capacity of the underlying FH scheme with that of the FD scenario for
various setups in terms of distributions on the number of active users, SNR and e and showed that
FH outperforms FD in many cases.

In chapter 3, spectral efficiency in decentralized wireless networks of separate transmitter-
receiver pairs was studied. A signaling scheme was introduced where the code-book for each user
consisted of two groups of codewords, referred to as signal codewords and signature codewords.
Utilizing a conditional version of entropy power inequality and a key Lemma on the differential
entropy of a random vector with mixed PDF an inner bound in the capacity region of the network
was developed. For consistency reasons, each user designs its signature codewords based on maxi-
mizing the average (with respect to a globally known PDF for the channel gains) of the achievable
rate per user. It was demonstrated how the SMG in the network (regardless of the number of
users) can be made arbitrarily close to the SMG of a TD system. A pivotal observation was that
the elements of the signature vectors are not equiprobable over the underlying alphabet in contrast
to the customary use PN signatures in randomly spread CDMA where the chip elements are +1 or
—1 with equal probability. Based on this observation, we showed how to achieve a nonzero SMG
in a randomly spread CDMA-based multiple access channel equipped with matched filters at the
common receiver. In the sequel, invoking an extremal inequality, we presented an optimality result
by showing that in bluetooth systems, transmission of i.i.d. signals in consecutive transmission slots
is suboptimal regardless of the PDF of the signals.

Finally, in chapter 4 a decentralized Gaussian interference channel consisting of two block-
asynchronous users is studied. The network is decentralized, i.e., there is no central controller to
assign the resources to the users and users do not explicitly cooperate. In particular, no user is
aware of the other user’s code-book. As such, multiuser detection is not possible at the receivers.
We considered a scenario where the rate of data arrival at the encoders is considerably low and
codewords of each user are transmitted at random instants depending on the availability of data
for transmission. Users are block-asynchronous meaning there exists a mutual delay between their
transmitted signal bursts. Due to the randomness of delay, no user is aware of the location of
interference bursts on its transmitted data. A model for delay was suggested in which the starting
point of an interference burst is uniformly distributed along the transmitted codeword. We also
included the possibility that with a certain probability each user might not experience interference
on a transmitted codeword at all. Since this model is non-ergodic, probability of outage was
used as a computational tool to study the performance. It was proposed that each user follows a

locally Randomized Masking (RM) scheme where the transmitter quits transmitting the Gaussian
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symbols in its codeword independently from transmission to transmission. An upper bound on
the probability of outage per user was developed using entropy power inequality and a key upper
bound on the differential entropy of a mixed Gaussian random variable. It was shown that by
adopting the RM scheme, the probability of outage is strictly lower than the case where both users

continuously transmit the Gaussian symbols in their codewords.

5.2 Future Research Directions

5.2.1 Sum Multiplexing Gain

In chapter 3, we have shown how an SMG of 1 is achievable in a decentralized interference channel
with N users for any N > 2. The signature-book that achieves this SMG does not depend on the
channel gains, i.e., our result holds for realization of the channel gains. As it is already pointed
out, the knowledge of users about the channel gains is only partial and each user is only expected
to know the gains of the channels from all transmitters to its own receiver. This raises the question
if an SMG larger than 1 can be attained by incorporating the partial knowledge of users about the
channel gains. Showing that an SMG larger than 1 is not achievable in a decentralized network
of arbitrary number of users and for almost any realization of the channel gains would also be an

interesting direction to investigate.

5.2.2 Coexistence Through Cognition

An alternative is to consider a network of one primary and IN secondary users modeled by an
interference channel with IN +1 users. We assume Pr{IN = 0} > 0, i.e., it is likely that the primary
user is the only user in the network. The primary user is “dumb” in the sense that:

1- The primary transmitter is unaware of the channel gains.

2- The primary transmitter is unaware of the realization of V.

3- The primary user is unaware of the code-books of the secondary users.

The secondary users are “smart” in the sense that:

1- Each secondary user is aware of its forward channel gain and the gains of the channels
connecting all transmitters to its receiver.

2- Each secondary user is aware of the realization of N.

3- Each secondary user is aware of the code-book of the primary user. However, the secondary
users are unaware of each other’s code-book, i.e., they are anonymous to each other.

Note that we only assume the secondary users are aware of the primary user’s code-book and not
its message. This is in contrast to the assumption made in the literature on cognitive radios that the

secondary transmitter is aware of the primary user’s message. Therefore, the secondary transmitter
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in our setup is unable to perform dirty paper coding, however, the secondary receiver is capable of
multiuser detection (decoding its message and message of the primary user simultaneously, while
treating other secondary users as noise).

This setup for the cognitive network is a decentralized setup where the secondary users only
sneak into the network and have to make sure the primary user’s performance is always maintained
at a satisfactory level, while the quality of service for each secondary user is convincing as well. The
strategy for the primary user is to continuously transmit Gaussian codewords as if the secondary
users were not present at all. On the other hand, the secondary users perform the RM scenario
proposed in chapter 4 in order to provide the primary user and each other with partially interference-
free reception.

As the primary transmitter is unaware of the channel gains and the presence of the secondary
users, outage probability is an appropriate measure to assess the quality of service for this user. We
propose that the transmission rate R, of the primary user and the activity factor 6 of the secondary
users must be such that the probability of outage for the primary user is kept less than a threshold

€. We define the e-admissible region A. as
A. 2 {(0, Rp) : Pr{Outage for The Primary User} < e}.

The primary receiver treat the interference as noise. However, the secondary receiver has two
options, i.e., treating interference as noise and multiuser detection. Let us denote the rate region
associated with the i secondary user by R;(f) and the transmission rate of this secondary user
by Rs,;. Fixing R, and 6, we define w;(¢, R1) by

Wi(ev Rp) £ Sup{RS,i : (Rp7 Rs,i) c Rz(e)}

Thereafter, assuming U(Ry, Rs.1,- - , Rs,N) is a globally known utility function of the rates of
the users, the rate R, and the activity factor 6 are selected based on the rule

(0, Rp) = arg omax E{U(Rp,wl(ﬁ, Ry), - wn(0, Rp))}

where the expectation is with respect to the channel gains and the number of secondary users.
Hence, the primary user regulates its transmission rate at ]:Zp and each secondary transmitter
regulates its activity factor at 6. Moreover, the it secondary user sets its transmission rate at
wi(é, ]%p) using its knowledge of IN and the channel gains from all transmitters to its receiver.

In the sequel, one may consider a different strategy where each secondary transmitter listens to
transmission of the primary transmitter and forwards this data towards the primary receiver in the
next transmission slot. It is clear that the secondary receiver also experiences more interference as

a result of this scheme. We can repeat the previous design technique again with the slight difference
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that the power splitting performed at each secondary transmitter in order to forward the signal of

the primary transmitter and its own signal is also part of the optimization rule.
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Appendix A; Proof of Lemma 1

Let us consider a t x 1 complex vector Z with mixed Gaussian distribution pz(Z) with different

covariance matrices {C;}; and associated probabilities {p;}~ ; given by
L
pe(® =Y ng” 7.C). (5.1)
=1

where g,fc) (Z,C)) = ﬁetcl exp (—chl—lz) and it is assumed that C} = Q%It and 03 < 03 < -+ < 0%.

One can write

// #(Z) log p(2) jzzah (5.2)

where J; = p; fggc) (Z,C)) log pz(Z)dZ for 1 <1 < L. To find a proper lower bound on each .J;, we

proceed as follows. We have

Jy = L/g§kzcnlmg<§:zmm“),c7)>dz (5.3)

m=1

On the other hand, one can write log (Z lpmgt(c) (Z, C’m)> as

L
b%;Mwﬂﬂm>zl%@fﬁQD
m=1
()

() L
Pm 9 (Z,Cm) Pm 9 (Z,Cm)
H%G+§ 4————+§ de S ml )
b g, )(Z ) m=Il+1 i Qg )(Zv )

(5.4)
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pm 00 ECm) _ L pm %" 1 L\
— Z'Z) is al T T
However, the term S m=t+1'n (O = D1 o o7 €Xp — (( o) ng) ) is always greate

Pm gl
than Zm 11 o Hence, we arrive at

L
log <Z gt (. Cm)> > log (ng§c)(f, Cz))
m=1

2t
On the other hand, the term Zﬁnll ZZZ”% = - pﬂiexp—((g% - é)i’ri') is always
g Z, m m 1

2t
less than Zi;il IZ;L %. Now, we use the following inequality!, which is valid for any b > 0 and
0<z<aq,

log(14+b+x) > (1 - —> log(1+b) + log(1+a+b). (5.6)

Utilizing this in the expression on the right side of (5.5), we get

L
log (Z Pt (Z, cm>> > (1 - Z o gt )> log(1 + u)
m=1

P gy ( )
— (¢) /=
—i—l Z ﬂw log(1 4+ v, + ). (5.7)
Y m=1 p gtc (za Cl)

2t
where p; = E,Ln 141 1;7[” iét and v = Ef;il %%%E' Using this in (5.3) yields

-1
Ji > pz/ (2, C1) log(pgs” (2, C1))dZ + (Pz - Zm;llpm> log(1 + u)
-1
+2m51pm10g(1+1/l+m)- (5.8)
1
The first term on the right side can be calculated as
n [ 6@ Colog (sl @ CO)iz = mlos (o) [ o 2 Ciz

+pl/ ()(Z,Cl)logggc)(f, Cy)dZ
= plogp +pz/gt( )z ) log g (7, C))dZ

= plogp; — pilog ((we)" det Cy)
= plogp — tp log(meo?) (5.9)

!One may verify this using Jensen’s inequality and concavity of the log(.) function.
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where in (a) we have used the fact that the differential entropy of a ¢ x 1 complex Gaussian vector

with covariance matrix C; is log ((we)t det Cl). Thus,

b@) = - [ pe(@) logpl) ZJZ

L
< = plogp +thz log (meof)

I=1 1=1
L -1
- Z (Pl - Zm:ﬂ?m) log(1 + p)
Yy
I=1
L -1
- Z Lom=1Pm log(1 + v + ).
vy
=1
(5.10)
Briefly,
L
h(Z) <t ) plog(meg}) + $ — & (5.11)
1=1
where
L
—> pilogp, (5.12)
1=1
and
L Zl 1 D Z D
95"22 PZ—M log(1 + ) +Z =1 mlOg(1+Vl+m)-
=1
(5.13)

®” is a complicated function of {g/}* ;. To simplify it, one may notice that &” is an increasing

function of y;. Hence, using p; > 0, we get a lower bound on &”, namely &’ given by

L -1
log(1 + 1)
[
6 =) o Y b (5.14)

=2 m=1

On the other hand, using the fact that w is a decreasing function of x, one may obtain a lower

2t -1
bound on &’ by finding an upper bound on v; for each I. One option is v; < %w. Thus, we
1

P
come up with the following lower bound on &’
2t L -1
6 >62 25N plog |1+ M . (5.15)
o7, —2 1 DL
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Appendix B; Proof of (2.50)

Let us consider the generalized FH scheme with hopping parameter v = v*. The number of

frequency sub-bands chosen by the i*" user in a typical transmission slot is denoted by the random
variable v;. This number changes independently from transmission slot to transmission slot. In
fact, Pr{v; = [v*]} = [v*] — v* and Pr{v; = [v*]|} = v* — [v*]. We mention that {vj}é\/:l are
independent random variables. As before, we denote the set of frequency sub-bands selected by
the i*" user by s; where |s;| = v;. To be more clear, we use the notation s;(v;) instead of s;. The

achievable rate of the ™" user is given by
Zi =1(E; Gilvi,si(vi) = Y Pr{vi = vi}I(&; §lvi = vi, si(vi) = 5] (vi))  (5.16)
vie{[v*],[v* |}

where s7(v;) denotes the selection of the first v; sub-bands by the i*! user. Following the same lines

that led to the lower bound in Theorem 2,
3 2 Z;(s*(v; —h(Z
(& 9, |vi = vy, 8i(v;) = 5 (v3)) > %bg <2w(h(mz( 7 () h(zJ)) (5.17)
where Z, consists of the first v; elements of Z;. On the other hand,
h(z)) < h(Z},{v}jx)
= h(Zi{v;}jz) + H{v;}jz)
= h(Zi[{v,}jz) + D _H(v))
J#i
= h(Zi[{vj}jz) + (N = DA([v"] —v7).
(5.18)

Let us define

Co1<j<i-1
v Vi i=dstTma (5.19)
viy1 1<J<SN-—1
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Then, we have the thread in (5.20).

h(Zil{v;}z) = h(EHv5)

N-1
= Z H Pr{v) = vj}h(Zj|v} = v}, - vy = vy )
Ui,"',U;\]_le{[U*—I,\_U*J} ]:1
N-1
< Z H PI‘{'U;- = 'U;'}h(zi,l vll = ’Uia U ’U/N—l = UA/N'—I)'
v’lv"’vvgv_le{"v*—‘7l_v*J} le
(5.20)
Using Lemma 1,
1—aio(v], - ,vN_q)
h(zi,l Ull :Uia”' 7UIN71 :U;\ffl) < : 12 Nl 10g(<‘i7Li(via"‘ 7U§V71)7+1)
L;
- Zai,l@)i? T 71)?\/71) logai,l(viv T 703\/71)
=0
+ log(V2meo).
(5.21)

Assuming the channel gains are realizations of independent and continuous random variables, then

L; =211, Theset {a; (v}, - 7U§V_1)}1250_171 consists of the numbers [];_, v% [Ti<m<n-1 (1 — %)
mg{mi}i_,
forl<n<N-landl1<m < ---<my,<N-—1. Also,

N-1
) ! / — 1 Ui 29
aio(vy, -, UN_1) = | | - (5.22)

j=1 Y
and )
R o
GiLi (V] -+ s V1) :Z' i}f' . (5.23)
gA
Clearly,
¥ hal?
G, (W], W) < SR (5.24)

[v*]
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The equations (5.20) to (5.24) yield (5.25).

N-1 E {v’} B o|2
Y iLi i

h(Z;[{v;};z) < % log (ZJE;UH + 1) + v; log(V2meo)
Jj=1

N-1 n / / n / /
v v
> el TL (eI TT (%)
n=0 {my}r_, b1 Y 1<m<N-1 u 1 1<m<N-1 u

B m¢{mk}Z:1 m%{mk}zzl

(5.25)

It is straightforward to show that the last term in (5.25) is equal to (N — 1)v;0,« where 9.+ is given
n (2.51). Finally, by (5.16), (5.17), (5.18) and (5.25),

_9(N— I A M )
Ty +1 . (5.26)
]2 —(1l—==

2

Z%; > E %log
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Appendix C; Proof of Proposition 1

We have that 771(:1]% = %y,:;}u and 771(?1& = 5 max, {UE {N (1- E)N 1}} Let

u

Q(v, N) £ NwN -1 (5.27)
where w, = 1 — 7. Thinking of IN as a real parameter for the moment, we have a?VQQ(U N) =
wN-1 (N (Inw,)? —|—21nwv>. As N > 1, then 8]\2129(0’N) > wlN-t ((lnwv)Q—i—anwv). But,

(lnwy)2 + 2Inw, > 0 if and only if w, < e% or wy, > 1. Since w, < 1, we get w, < e% This implies

that the function Q(v, N) is a convex function of N as far as w, < e% Therefore, by Jensen’s

inequality,
E {N (1 - Z)N_l} — E{Q(u,N)}
> Q(v,E{N})
— E{N} (1 - U)E{N} 1 (5.28)

(A4
N = N
<
m
g
=
- £
~—
IS
NS
—
<
=
—
/N
|
SRS
N—
i
—
——
——

1 E{N}-1
> §E{N} max {U - E) }
’UE[ 1-=% u,u] U

(5.29)

The function v (1 — %)E{N} -1 is a concave function in terms of v that achieves its absolute maximum
at & { NT- Therefore,

E{N}-1
max {u (1 - 3) } —Q(1- QFMI-1y (5.30)
ve[(lf% u,u] u
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where Q 2 max{ - %550 } Using (5.29) and (5.30),

ad > 2o - Q"M E(Nu. (5:31)

Hence, a sufficient condition for 77}(711% > 77%1]% to hold is that

Q(1— QFENI-1 b (5.32)

Nmax

If E{N} > e%l, we have Q = 1 — %. Hence, (5.32) reduces to the inequality E{N} <
310 ((€® — 1)nmax). Therefore, if 326%1 < E{N} < 1In((e* — 1)nmax), then (5.32) is satisfied.
On the other hand, if E{N} < = = 1.1565, we get Q = Thus, (5.32) reduces to the
1 1 E{N}-1 1
inequality W (1 — W) >

E{N}. Since E{%\I} (1 — E{%V}

per bounds is obtained for ny,,x = 2 and is equal to 1.2938. This means that for E{N} < 1.1565,
(5.32) is automatically satisfied. Thus, (5.32) is equivalent to

1
E{N}"

r— For each npya.x > 2, this yields an upper bound on

E{N}-1
) is a decreasing function of E{IN'}, the smallest of these up-

E{N} < %m ((€* = 1)imax) - (5.33)

To prove the second part, we note that 17%2]% = 2n:,ax and 171(72})1 = %maxv {’UE { (1 — %)N_l}}.

The function (1 — %)N_l is convex in terms of N. Using Jenson’s inequality,

@ o 1 v E{N}-1
e = 2max{v(1 )

v u
u 1 E{N}-1
= — (1-—— . .34
s (1 6 .
. o @) _ (2 .
Hence, a sufficient condition for 7y > npp) to hold is
1 1 E{N}-1 1
1-— —— .
e () 7 (535
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Appendix D; Computation of R%%(e)

By (2.75),

o 9=9(v,N)9an (TN-1,137,3) hi 2
Pr {%fl)mi) < R} = Pr{vlog o (il ™y — 41| <R} (5.36)
vng:_ll ,ml (’YImm’ + 1)ﬁmN(§)

N—l)

)Nﬁl*m and for each m, {Im,m’}y(n'21

where 3,, N (3) = ()™ (1 -2 consists of all possible sum-
N-—-1

mations of m elements in the set {|h;;|? }] 1ji» such that Hn]j;ll r(nle)(%l—mm/ + 1)ﬁm«N(E) =

lel(Ci,l’y + 1)@, We have also substituted &; by 6§1b)(v,N) = an(Tn-1,1;2,2). Since N

itself is a random variable, the outage probability can be written as

Pr{#" (h;) < R} = q& + %(qnfn, (5.37)
where
¢ = Pr{z"(h;) < RN =1}
_ pr{mog( 4 iy ><R}
— 1—exp (1_2 ) (5.38)
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Denoting the collection of random variables {Z,,, ./} 1<m<n—1 by &y, the quantity &, is calculated

as

gn =

Pr{g?i(l)(_)
Pr{vlog

E{ Pr<ovlog
E{1—exp
1-—E<{exp

L —n

27.6(’0,7’L)2Oén(1.n—1,1§%7%) ‘hi,i|2'}’

1<m/<("1)

hi) < RIN = n}

+1] <R

n—1
( m )(%ImJH/ _|_ 1)ﬁ'm,n(a)

m=111lm/=

9—9(v,n)9on(Tn-1,1;7,7) |hii|2y

99(v.n) (1 — ﬁ) v

(n_l) +1 <R‘jn
VT T e+ 1))
29 (1 2% ) 0 n=1 () Burn(2)
270471(1—”—1,1?%7%) (ll.mm’ 1) m,n\ 7y
IT (G Zomaw +

v 1

. v - ,Bm,n %
2_(X7L(In71,17%75) H (lIm m’ + 1) ( )
Y 1 v

R

99(v,n) (1 _ 27) vy
”l)’

(5.39)

gl

where (a) follows from the fact that after conditioning on .#,, the only random quantity is |h; ;|?,
which is exponentially distributed. Also, (b) holds by the definition of v,,. This yields the desired

result.
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Appendix E; Proof of Corollary 1

As by < 0 and 0 < 272»(@b2:22) < 1 for all z > 0, we have

1 o
Gn (b1, b2, P10y P2) > I / 2" 2 exp (b1n(boz + )PP — 2)dz. (5.40)
Mo

(n—2
One may easily check that % exp(—z)I{z > 0} is a PDF for some nonnegative random variable
z. Thus, (5.40) can be written as

d)n(bl,m b27p1,n7p2) > E {exp (bl,n(b2z + 1)p1,n)} . (5'41)

However, as b1, < 0 and 0 < p1,, < 1, the function exp (bl,n(bgz + 1)p1v”) is a convex function of
z. Hence, applying Jensen’s inequality yields
¢n(bl,n7 b27pl,n7p2) > €xp (bl,n(bQE{z} + 1)p1,n)
= exp (blm((n —1)by + 1)p1’”>,

where we have used E{z} = n — 1. Using (5.42) in (2.93) and noting that by, =

by = %, and p1, =1 — a(v,n), we get the desired lower bound.
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Appendix F

Setting n = —Alne, we have
X —A\n
—~ e A
Pr{N >n} = Z .
n=mn
AR <2
_ =A%
e e |
7j=1k=1
i [ o J
2[5
n = n
_ o1
B Al — A
9 ()
2n \ 1 1-— %

_ (_ lns) T (5.43)

n
where (a) follows by stirling approximation for n!. The term (%ﬂe) can be written as

()

—n(In(—Ine)—1)

e

eA(ln(— Ine)—1)Ine

—
S
N

6ln €

c. (5.44)

IN

where (a) is valid if A(In(—1Ine) — 1) > 1, which is the case for sufficiently small e. Combining this

. e~ A 1 1 - .
with the fact that VoA TF D < 5 gives the desired result.
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Appendix G; Proof of Proposition 5

To prove the desired result, we need some preliminary facts in linear analysis [85]. Let £ be an
Euclidean space over C with inner product function (.,.) : &€ x € — C.

Definition 1- Let U be a subspace of £. The orthogonal complement of ¢/ is defined by
Ut 2 {veé: (uv)=0vuecld}. (5.45)

Fact 1- If U is a subspace of £, then for each v € &, there are unique elements v; € U and
vy € UL such that v = v + vs.

Definition 2- In the setup of Fact 1, v; is called the projection of v in U and is denoted by
proj(v;U). By the same token, vy = proj(v;U™").

Definition 3- Let Uy and Uy be subspaces of £. We define

proj(Uy; Us) = span{proj(v;lUs) : v € Uy }. (5.46)
Fact 2- Let U; and Us be subspaces of €. Then,
dim(U Uls) = dim(Uy) + dim(proj(Us; UiD)). (5.47)

Fact 3- Let X be a p x ¢ matrix such that rank(X) = ¢. Then, for any ¢ x r matrix Y, we have
rank(XY) = rank(Y').

Using the fact that for any matrix X, rank(XXT) = rank(X), it is easy to see that for any
§ € supp(s;) and S € supp(S;), we have logdet (IK_l +a2PGI(§)SEiEISTGI(§)> scales like

rank(GIS) log P and log det (IK + 042PSEZ-EIST> scales like rank(S)log P. Applying these ob-
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servations to (3.38) and noting that P and 7 are proportional, we get

() 7
K lim Zi ) _ S Pr{E =5
1
7o logry _ R
sesupp(3i)\{0k }
+ Z Pr{S; = S} Pr{s; = §}rank(GI(§’)S)
SEsupp(Sil
sesupp(8;)\{0x }
- > Pr{S; = S} Pr{3; = §}rank(S)
Sesupp(S;)
sesupp(8;)\{0x }
= Pr{5#£0k}+ Y. Pr{Si=S}Pr{5 = 5hrank(G!(5)9)
Sesupp(S;)
sesupp(8;)

— Y Pr{S; =8} Pr{5; = U jrank(G] (0k)S)
Sesupp(S;)
—E{rank(S;)} Pr{3; # 0x}
Y pr{g £0x) +E {rank(Gj(é’i)Si)} — E{rank(S;)} Pr{5; = 0x}
—E{rank(S;)} Pr{8; # Ok}

— Pr{3 #0x} +E {rank(Gj (3,)S:) — rank(Si)} (5.48)
where (a) is by the fact that G;(0x) = Ix. To complete the proof, we show that
1{5; # 0 } + rank(GJ (5,)S;) = rank ([S,]5,]) (5.49)
holds almost surely.
Let us write
rank([S;|8;]) = dim(span(s;) U csp(S;)). (5.50)
By Fact 2,
rank([S;|8;]) = dim(span(&;)) + dim(proj(csp(S;); (span(;))*))
= {8 # Ok} + dim(proj(csp(8); (span(8:))1)). (5:51)
On the other hand, by the definition of G;(§;),
(span(8;))T = csp(G4(5;)). (5.52)

It is easily seen that for any 1 < k < K —1, the k' column of the matrix GI(§1)SZ yields the proper
linear combination of the columns of G;(8;) that constructs the projection of the k™ column of S;

into the space csp(Gi(s;)), i.e.,
Gl(gz)[G;r(gl)Sz]k = pl“Oj ([Sz]]€7 CSp(Gl(gz))) . (5.53)
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Therefore,

span ({Gi@)iGlsi ) = s (span ({I00} ) sesplcitan)

T
N—
N—
N—
—~~

_C)'l

Ut

e
N—

= proj(csp(S;); csp(Gi(S;
However,
K
span ({GZ(SZ)[GI (gz)sz]k}kzl) = esp(Gi(3)G1(5)8:) (5.55)
By (5.54) and (5.55),
proj(esp(S7); esp(Gi(31))) = esp(Gi(5,) Gl (5))S1). (5.56)

Using (5.56) and (5.52) in (5.51),
rank([S;|8i]) = I{8; # Ok} + dim(csp(Gi(3) G (3:)8:))
= {8 # Ox} + rank(Gi(3) G (5,)S))
1{5; # Ok } + rank(G] (5;)S,) (5.57)

—
S]
N

where (a) follows by Fact 3 as G;(8;) has independent columns. Taking expectation from both

sides,
E {rank([S;|8])} = Pr{5; # 0x} + E {rank(G;r(é’i)Si)} . (5.58)
Using this in (5.48),
() 7
K lim # () = E {rank([S;|S;]) — rank(S;)}

y—oo  logry
= Pr{s; ¢ csp(S;)}. (5.59)

This completes the proof.
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Appendix H; Proof of Corollary 2

By Proposition 5,
Zi(hi) _ Prisi ¢ csp(Si)}

li .
“/an}o logy — K (5.60)
In this appendix, we prove that
i Zi(ha) < Pr {8 ¢ esp(Si)} (5.61)
y—oo log~y K
By (3.10), it suffices to show that limy .o % < Pr{s; ¢ csp(S;)}. Let us consider the

informed i*" user where the receiver is aware of §; and S;. The achievable rate of this virtual user
is W It is clear that I(x;; y;|S:) < I(xi; y;|Si, Si). However,

Lwi; §;]8i, 8i) = Y Pr{8 =5} Pr{S; = S}(z;; 4|5 = 5,5 = 5)

sesupp(3;)
Serange(S;)

(a) . o det (cov (4;]8; = 5,8; = 9))

= 2 Pr{E=8Pr{Si =Sy e )
sesupp(s;)
Serange(S;)

= Z Pr{s;, = §} Pr{S; = S}logdet (cov (y;|s; = §,S: = 5))
Sesupp(8;)
Séerange(S;)
— > Pr{S;=S}logdet (cov (@; + Z]S; = 5)) (5.62)

Serange(S;)

where (a) follows by the fact that fixing S; = S converts the channel of the i*® informed user to an
additive Gaussian channel. On the other hand,

> Pr{s =5} Pr{S; = S}logdet (cov (3;|5; = 5, S; = 5))

Sesupp(§;)
Serange(S;)

= Y Pr{5 =35} Pr{S; = S}logdet (IK + a2P|h; 255 + a2PSEiEZTST> .

sesupp(3;)
Séerange(S;)

(5.63)
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Noting that log det (IK + 042P|hi,i]2§2§'f + QQPSEZ'EIST) scales like rank ([5'].5]) log P, we conclude
that the first term on the right side of (5.62) scales like E {rank ([s; |S;])} log P. By the same token,
the second term on the right side of (5.62) scales like E {rank(S;)}log P. Therefore, I(x;; y;|5;) is
upper bounded by a quantity which scales like (E{rank ([Si|Si)} — E{rank(Si)}) log P. Noting

that P and ~ are proportional, the result of the Corollary is immediate.
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Appendix I; Proof of (3.80)

t
c — — P t
Let 5 be (1 lv 1 1 ! 1) and Sy = <8271 S22 - 827K) . Then,
k times K—k times
Pr {§T§2 = 0} =Pr {3271 +- o+ Sk =80 pt1+ -+ SQ’K} . (5.64)
If [ of sp1,---,82% are +1 and I’ of sgpy1,---, 82k are also +1, then for so1 + -+ + s9 =

Sok+1 + -+ + S2 k to happen, we must have I' = — k + % and therefore, K must be an even
integer. Hence,

Pr{sg1+- -+ 8ok =82141+ -+ 82K}
k K-k

=>»> <’;) <Kz7 k) PR {z’ —1—k+ [2(} . (5.65)

=0 I'=0

The constraints 0 <!’ < K —k and 0 <[ < k yield max{k: — %,0} <[] < min {k:, %} Therefore,

Pr{sg1+ -+ 8ok =82p41+ + 82k}
min{k,%}

K_p K k K-k 2l
= ahpTtk Z <l><l_k+§> (%)

l:max{k—%,ﬂ}

min{k,%}

= uihpEte % (/;) (II(Q(:ID <%)2z

l=max{k—% 0}
_ <II§> Vs { (Z)QR} (5.66)
where k is a Hypergeometric random variable with PMF
(5 (575
()

Pr{ik =1} = (5.67)

el
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Appendix J; Proof of (3.93)

Let 81 = (.9171 8172>t. Therefore,
H <§1§D = (|81,1|2, |s1.2/% 51,181,2)

(|81,1|2, \81,2|2) +H (81,181,2||81,1|2, |31,2|2)

(|S1,1!2) +H (\81,2\2) +H (81,131,2‘\31,1|2, 51,2

(Js11]) + H(|s1,2]) + H (s1,1812|[s1.1], [s1,2])

= 2(c) + H (s11812]|s1,1], s1,2]) - (5.68)

’)

H
H
= H
H

To compute H (81,18172“3171|, |51,2]), we have

H(si1s12||s1,1],]s12]) = H(s1is12||s11]=1,]s12] =1)Pr{|s11| = 1,[s12| = 1}
+H (51,131,2’]31,1] =0,[s12| = 1) Pr{|s11| =0,|s12| =1}
+H (31,131,2“3171] =1,[s12| = O) Pr{|s11| =1,|s12| =0}
+H (31,151,2‘|51,1] =0,[s12| = O) Pr{|s11| =0, |s12| =0}
= 1}
(5.69)

= H(si1s12||s11] = 1,[s12] = 1) Pr{|s11| = 1,[s12

where (a) is due to H (31713172H31,1\ =0,[s12| = 1) =H (81718172“8171| =1,|s12| = 0) =H (81,18172H8171| =0,]s1,2]
=1, |81’2| = 1} = 1?2 4+ 2. This

0. On the other hand, it is easy to see that Pr{s; 1512 = 1“31,1
implies H (31,13172H3171| =1,[s12| = 1) = # (v? + 1?). Therefore,

H (81718172H8171|, |8172’) = <%(Vz +§2) Pr{\sl,l\ =1, ‘8172‘ = 1} = 72%(V2 —i—fQ). (570)

Using (5.68) and (5.70),

T
/~/
Wy

i
W
——t
——
Il

2 () + E2H (V? +7°). (5.71)
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Appendix K; Proof of (3.107)

t
Let 81 = (.9171 sl,K) We have
H(§1§I) = H((s1k81,1)1<ki<K)
(a)
= H((Sl,ksl,l)lgk,ng,k#)
(b)
= H(s1,181,2,51,151,3, " ;S1,151,K)

(5.72)

where (a) is by the fact that s, = 1 for any 1 < k < K and (b) is by the fact that for any
two distinct numbers k,l € {2,---, K}, the knowledge about s; 151, can be obtained by knowing

81,181, and 81,181 as 81,181,k51,151,] = 317/{31718%71 = 81,%81,. Let us define

t

s= (8172 817]{) . (573)
By (5.72), H(§1§J{) = H(s1,15). Let F be the event where s1; = 1, while k of the elements of s,
namely, s1;,,---,81,_, and sy, are 1 and the rest are —1 for some 0 < k£ < K and 2 < [; <
lg <--- <l < K. Also, let G be the event where s;1 = —1, s1; = —1 for l € {l1,lz,--- ,l} and

siy=1for i ¢ {l1,la, - ,lx}. It is clear that
31715']1{.7} = 31715']1{9}. (574)

We know that Pr{F} = v**'5K=* and Pr{G} = vX~*7**1. Hence, using (5.74),

K

K

H(§1§D _ Z <k> (Vk-&-vi—k i VK—kka) log (Vk:—HPK—k i VK—kvk:-',-l) ' (5.75)
k=0
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Appendix L; Proof of Lemma 10

Intuitively speaking, u(f_il) is the capacity of a channel with forward gain h1; and additive ambient
noise CA(0,1), while v(h;) is an achievable rate in the same channel where in addition to the
ambient noise, a mixed Gaussian interference is present. Therefore, one expects u(l_il) to be larger
than v(hy).

To give a precise proof, we note that v(ﬁl) < u(f_il) holds if and only if

0 — -6
2 )
> (1 ! 0%) <1 +3 (1 " W)) B (5.76)
01 + %’7
This is equivalent to
- 1 0 ho.1|?
flog (142 rrel s |f o log <1+9 (1+|2’1|7>> < 2(0). (5.77)
014 2l 14 by 0 0

To prove (5.77), let x be a complex mixed Gaussian random variable with PDF given in (4.29). By
the concavity property of differential entropy [80],

h(x) > p; log (71'60'%) + p2 log (71'60’5) . (5.78)

Combining (5.78) with the result of Lemma 9 given in (4.30),

2 2 2
p20 p20 p1o

—p1 log p1 — p2log po — py log (1 + é) — —21 log (1 + 3) > 0. (5.79)
b1 035 05 b2 09

Setting pj = 0, po = 0, 0> =1 and 02 = 1 + % in (5.79) yields (5.77) which is the desired

result.
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